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3
Definitions and abbreviations

3.1
Definitions

For the purposes of the present document, the terms and definitions given in 3GPP TR 21.905 [1] and the following apply. A term defined in the present document takes precedence over the definition of the same term, if any, in 3GPP 3GPP TR 21.905 [1].
Dynamic STI: An STI dynamically assigned by the SCC AS, representing the SIP dialog identifier (Call-ID header field and the values of tags in To and From header fields) and used for session transfer request when Gm service control is available.

Additional transferred session SCC AS URI: A SIP URI which is a public service identity hosted by SCC AS and which is used during PS-CS access transfer with the MSC Server assisted mid-call feature.

Static STI: An STI configured in the SC UE either as a SIP URI or as an E.164 number in tel URI or SIP URI representation of tel URI. The static STI is used for CS-PS transfer when dynamic STI is unavailable.

Active audio media: SDP media component of audio media type which has "recvonly" or "sendrecv" directionality at the SC UE or at the MSC server serving the SC UE.

Inactive audio media: SDP media component of audio media type which has "sendonly" or "inactive" directionality at the SC UE or at the MSC server serving the SC UE.

ATCF URI for originating requests: A URI of ATCF where the ATCF receives requests sent by the served UEs.

ATCF URI for terminating requests: A URI of ATCF where the ATCF receives requests targeted to the served UEs.

For the purposes of the present document, the following terms and definitions given in 3GPP TS 23.237 [9] apply:

Access Leg

Access Transfer Control Function (ATCF)

Access Transfer Gateway (ATGW)

Access Transfer Update - Session Transfer Identifier (ATU-STI)

Local Operating Environment
Remote Leg
Target Access Leg

Source Access Leg

Emergency Session Transfer Number for SR VCC (E-STN-SR)
For the purposes of the present document, the following terms and definitions given in 3GPP TS 24.292 [4] apply:

CS call

CS media
For the purposes of the present document, the following terms and definitions given in 3GPP TS 23.218 [67] apply:

Initial filter criteria

For the purposes of the present document, the following terms and definitions given in 3GPP TS 23.228 [15] apply:

Policy and Charging Rule Function (PCRF)

For the purposes of the present document, the following terms and definitions given in 3GPP TS 23.003 [12] apply:

Correlation MSISDN

IP Multimedia Routeing Number (IMRN)
Session Transfer Identifier (STI)

Session Transfer Number (STN)
Session Transfer Number for SR-VCC (STN-SR)
For the purposes of the present document, the following terms and definitions given in IETF RFC 5012 [16] apply:

Emergency service URN
For the purposes of the present document, the following terms and definitions given in IETF RFC 4353 [55] apply:

Conference

Conference URI

Focus

Participant
For the purposes of the present document, the following terms and definitions given in IETF RFC 3264 [58] apply:

Directionality
For the purposes of the present document, the following terms and definitions given in 3GPP TS 23.292 [xx] apply:

ICS user
4.2
Underlying network capabilities
4.2.1
General

SC assumes the use of a number of underlying network capabilities:

1)
provision by the home network operator of SCC AS on the IM CN subsystem, as specified in 3GPP TS 24.229 [2];

2)
if ICS is used, the network capabilities as specified in 3GPP TS 24.292 [4];
4.2.2
PS-CS session continuity, Single Radio

In order to allow for PS-CS session continuity, Single Radio, SR-VCC procedures assume that filter criteria cause all sessions subject to SRVCC to be anchored in an SCC AS as described in 3GPP TS 23.216 [15]). 

Configuration of QoS assignment for SR-VCC as defined in 3GPP TS 23.203 [65] and TS 23.107 [66] need to be aligned with the initial filter criteria and SCC AS determination that a session is subject to SR-VCC as defined in 3GPP TS 23.216 [15]).
**** next change ****

9.2
SC UE
9.2.0
General

In the PS-CS session continuity procedures the SC UE shall consider only sessions with a speech media component and where local configuration indicates that this session is subject to PS-CS session continuity in access transfer procedures.

NOTE:
PS-CS session continuity requires configuration in UE and SCC AS to determine what sessions are subject to access transfer. It is assumed that these configurations are pre provisioned in the UE and the SCC AS. Provisioning mechanisms are outside the scope of the present document.

**** next change ****

9.3
SCC AS
9.3.0
General

In the PS-CS session continuity procedures the SCC AS shall consider only sessions with a speech media component. and where local configuration indicates that this session is subject to PS-CS session continuity in access transfer procedures.

NOTE:
PS-CS session continuity requires configuration in UE and SCC AS to determine what sessions are subject to access transfer. It is assumed that these configurations are pre provisioned in the UE and the SCC AS. Provisioning mechanisms are outside the scope of the present document.

**** next change ****

12.2
SC UE procedures for PS to CS access transfer, SR-VCC

12.2.1
General

The SC UE may be engaged in one or more ongoing sessions before SR-VCC access transfer is performed. By an ongoing session, it is meant a session for which the SIP 2xx response for the initial SIP INVITE request to establish this session has been sent or received.
In the SR-VCC session continuity procedures the SC UE shall consider only sessions where the following applies

1.
 the session does have a speech media component; and

2.
the speech media is carried over PS bearer with traffic-class conversation with source statistics descriptor ="speech" as specified in 3GPP TS 23.107 [66]) or over an PS bearer with QCI=1 as specified in 3GPP TS 23.203 [65]).
for access transfer. Sessions considered for SR-VCC procedures are regarded as full-duplex.
**** next change ****

12.3
SCC AS
12.3.0
General

In the SR-VCC access transfer procedures the SCC AS shall only consider sessions  that have a speech media component and that are subject to SR-VCC as defined in subclause 4.2.2 for access transfer. 
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