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6
Application usage of SDP

6.1
Procedures at the UE

Usage of SDP by the UE:

1.
In order to authorize the media streams, the P-CSCF and S-CSCF have to be able to inspect the SDP payloads. Hence, the UE shall not encrypt the SDP payloads.

2.
An INVITE request generated by a UE shall contain SDP payload. The SDP payload shall reflect the calling user's terminal capabilities and user preferences for the session. The UE shall order the SDP payload with the most preferred codec listed first. In addition, the calling user shall indicate the desired QoS for the session, using the segmented status type. In an initial INVITE request the UE shall indicate that it mandates local QoS and that this precondition is not yet satisfied, i.e. the UE shall include the following preconditions:


a=des: qos mandatory local sendrecv


a=curr: qos local none

3.
Providing that the INVITE request received by the UE contains an SDP offer including one or more "m=" media descriptions, the first 183 (Session Progress) provisional response that the UE sends, shall contain the answer for the SDP received in the INVITE. The said SDP answer shall reflect the called user's terminal capabilities and user preferences.

4.
When the UE sends a 183 (Session Progress) response with SDP payload including one or more "m=" media descriptions, it shall request confirmation for the result of the resource reservation at the originating end point.

5.
During session establishment procedure, SIP messages shall only contain SDP payload if that is intended to modify the session description.
6.
For "video" and "audio" media types that utilize the RTP/RTCP, the UE shall specify the proposed bandwidth for each media stream utilizing the "b=" media descriptor and the "AS" bandwidth modifier in the SDP. 

If the media line in the SDP indicates the usage of RTP/RTCP, in addition to the "AS" bandwidth modifier in the media-level "b=" line, the UE shall include two media-level "b=" lines, one with the "RS" bandwidth modifier and the other with the "RR" bandwidth modifier as described in draft-ietf-avp-rtcp-bw-05 [56] to specify the required bandwidth allocation for RTCP.

For other media streams the "b=" media descriptor may be included. The value or absence of the "b=" parameter will affect the assigned QoS which is defined in 3GPP TS 29.208 [13].

NOTE1:
In a two-party session where both participants are active, the RTCP receiver reports are not sent, therefore, the RR bandwidth modifer will typically get the value of zero.
7.
The UE shall include the DTMF media format at the end of the "m=" media descriptor in the SDP for audio media flows that support both audio codec and DTMF payloads in RTP packets as described in RFC 2833 [23].
8.
The UE shall inspect the SDP contained in any SIP request or response, looking for possible indications of grouping of media streams according to draft-ietf-mmusic-reservation-flows-01 [54] and perform the action outlined in subclause 9.2.5.
9.
If a PDP context is rejected or modified, the UE shall, if the SDP is affected, update the remote SIP entity according to RFC 3261 [26] and RFC 3311 [29].
10.
If the UE builds SDP for an INVITE request generated after receiving a 488 (Not Acceptable Here) response, as described in subclause 5.1.3.1, the UE shall include SDP payload containing a subset of the allowed media types, codecs and other parameters from the SDP payload of all 488 (Not Acceptable Here) responses related to the same session establishment attempt (i.e. a set of INVITE requests used for the same session establishment). The UE shall order the codecs in the SDP payload according to the order of the codecs in the SDP payload of the 488 (Not Acceptable Here) response.

NOTE2:
The UE may be attempting a session establishment through multiple networks with different policies and potentially may need to send multiple INVITE requests and receive multiple 488 (Not Acceptable Here) responses from different CSCF nodes. The UE therefore takes into account the SDP contents of all the 488 (Not Acceptable Here) responses received related to the same session establishment when building a new INVITE request.

6.2
Procedures at the P-CSCF

When the P-CSCF receives any SIP request or response containing SDP, the P-CSCF shall examine the media parameters in the received SDP. If the P-CSCF finds any media parameters which are not allowed on the network by local policy, the P-CSCF shall return a 488 (Not Acceptable Here) response containing SDP payload. This SDP payload contains either all the media types, codecs and other SDP parameters which are allowed according to the local policy, or, based on configuration by the operator of the P-CSCF, a subset of these allowed parameters. This subset may depend on the content of the received SIP request or response. The P-CSCF shall build the SDP payload in the 488 (Not Acceptable Here) response in the same manner as a UAS builds the SDP in a 488 (Not Acceptable Here) response as specifed in RFC 3261 [26]. The P-CSCF shall order the SDP payload with the most preferred codec listed first.

When the P-CSCF receives an initial INVITE request for a terminating session setup or a 183 (Session Progress) response to an INVITE request for an originating session setup, the P-CSCF may modify the SDP according to draft-ietf-mmusic-reservation-flows-01 [54] to indicate to the UE that particular media stream(s) shall be grouped according to a local policy. The policy is used to determine whether the P-CSCF will request the UE to keep media stream(s) grouped in different PDP contexts and identify the relation between different media streams and PDP contexts (see subclause 9.2.5).

The P-CSCF shall apply and maintain the same policy within the SDP from the initial request or response containing SDP and throughout the complete SIP session. If a media stream is added and grouping apply to the session, the P-CSCF shall modify the SDP according to draft-ietf-mmusic-reservation-flows-01 [54] to indicate to the UE that the added media stream(s) will be grouped into either a new group or into one of the existing groups. The P-CSCF shall not indicate re-grouping of media stream(s) within the SDP.

The P-CSCF shall not apply draft-ietf-mmusic-reservation-flows-01 [54] to the SDP for additional media stream(s), if grouping of media stream(s) was not indicated in the initial INVITE request or 183 (Session Progress) response.
The P-CSCF may inspect, if present, the "b=RS" and "b=RR" lines in order to find out the bandwidth allocation requirements for RTCP.
****    3rd change    ****

9.2.5
PDP contexts for media

9.2.5.1
General requirements

The UE shall establish different PDP contexts for media streams that belong to different SIP sessions.

During establishment of a session, the UE establishes data streams(s) for media related to the session. Such data stream(s) may result in activation of additional PDP context(s). Such additional PDP context(s) shall be established as secondary PDP contexts associated to the PDP context used for signalling.
When the UE has to allocate bandwidth for RTP and RTCP in a PDP context, the UE shall use the rules outlined in 3GPP TS 29.208 [13].
9.2.5.1A
Activation or modification of PDP contexts for media

If the UE receives indication within the SDP according to draft-ietf-mmusic-reservation-flows-01 [54] that media stream(s) belong to group(s), the media stream(s) shall be set up on separate PDP contexts according to the indication of grouping. The UE may freely group media streams to PDP context(s) in case no indication of grouping is received from the P-CSCF.

The UE can receive a media authorization token in the P-Media-Authorization header from the P-CSCF according to RFC 3313 [31]. The UE shall, if a media authorization token is received in the P-Media-Authorization header when a SIP session is initiated, establish separate PDP context(s) for the media. If a media authorization token is received in subsequent messages for the same SIP session, the UE shall:

-
use the existing PDP context(s) for media;

-
modify the existing PDP context(s) for media; or 

-
establish additional PDP context(s) for media.

The UE shall transparently pass the media authorization token received from the P-CSCF in the 183 (Session Progress) response to an INVITE request at originating setup or in the INVITE request at terminating setup to the GGSN. The UE shall signal it by inserting it within the Traffic Flow Template IE in the ACTIVATE SECONDARY PDP CONTEXT REQUEST message or the MODIFY PDP CONTEXT REQUEST message.

To identify to the GGSN which flow(s) (identified by m-lines within the SDP) that are transferred within a particular PDP context, the UE shall set the flow identifier(s) within the Traffic Flow Template IE in the ACTIVATE SECONDARY PDP CONTEXT REQUEST message or the MODIFY PDP CONTEXT REQUEST message. Detailed description of how the flow identifiers are constructed is provided in 3GPP TS 29.207 [12].

Detailed description of how the media authorization token and flow identifiers are carried in the Traffic Flow Template IE is provided in 3GPP TS 24.008 [8].

If the UE receives several media authorization tokens from the P-CSCF within the same SIP request or response, the first instance of the media authorization token shall be sent to the GGSN, and subsequent instances are discarded by the UE.

The UE shall not include the IM CN Subsystem Signalling Flag when a PDP context for media is established or modified.

****    4rthchange    ****

A.3
Profile definition for the Session Description Protocol as used in the present document

A.3.1
Introduction

Void.

A.3.2
User agent role

This subclause contains the ICS proforma tables related to the user role. They need to be completed only for UA implementations.

Prerequisite: A.2/1 -- user agent role

A.3.2.1
Major capabilities

Table A.317: Major capabilities

	Item
	Does the implementation support
	Reference
	RFC status
	Profile status

	
	Capabilities within main protocol
	
	
	

	
	
	
	
	

	
	Extensions
	
	
	

	22
	Integration of resource management and SIP?
	[30]
	o
	m

	23
	Grouping of media lines
	[53]
	o
	c1

	24
	Mapping of Media Streams to Resource Reservation Flows
	[54]
	o
	c1

	25
	SDP Bandwidth Modifiers for RTCP Bandwidth
	[56]
	o
	o
(NOTE 1)

	c1:
IF A.3/1 THEN m ELSE n/a - - UE role
NOTE 1:
For "video" and "audio" media types that utilise RTP/RTCP, it shall be specified. For other media types, it may be specified.


A.3.2.2
SDP types

Table A.318: SDP types

	Item
	Type
	Sending
	Receiving

	
	
	Ref.
	RFC status
	Profile status
	Ref.
	RFC status
	Profile status

	
	Session level description

	1
	v= (protocol version)
	[39] 6
	m
	m
	[39] 6
	m
	m

	2
	o= (owner/creator and session identifier)
	[39] 6
	m
	m
	[39] 6
	m
	m

	3
	s= (session name)
	[39] 6
	m
	m
	[39] 6
	m
	m

	4
	i= (session information)
	[39] 6
	o
	
	[39] 6
	
	

	5
	u= (URI of description)
	[39] 6
	o
	n/a
	[39] 6
	
	n/a

	6
	e= (email address)
	[39] 6
	o
	n/a
	[39] 6
	
	n/a

	7
	p= (phone number)
	[39] 6
	o
	n/a
	[39] 6
	
	n/a

	8
	c= (connection information)
	[39] 6
	o
	
	[39] 6
	
	

	9
	b= (bandwidth information)
	[39] 6
	o
	o (NOTE 1)
	[39] 6
	
	

	
	Time description (one or more per description)

	10
	t= (time the session is active)
	[39] 6
	m
	m
	[39] 6
	m
	m

	11
	r= (zero or more repeat times)
	[39] 6
	o
	n/a
	[39] 6
	
	n/a

	
	Session level description (continued)

	12
	z= (time zone adjustments)
	[39] 6
	o
	n/a
	[39] 6
	
	n/a

	13
	k= (encryption key)
	[39] 6
	o
	
	[39] 6
	
	

	14
	a= (zero or more session attribute lines)
	[39] 6
	o
	
	[39] 6
	
	

	
	Media description (zero or more per description)

	15
	m= (media name and transport address)
	[39] 6
	o
	o
	[39] 6
	m
	m

	16
	i= (media title)
	[39] 6
	o
	
	[39] 6
	
	

	17
	c= (connection information)
	[39] 6
	c1
	c1
	[39] 6
	
	

	18
	b= (bandwidth information)
	[39] 6
	o
	o (NOTE 1)
	[39] 6
	
	

	19
	k= (encryption key)
	[39] 6
	o
	
	[39] 6
	
	

	20
	a= (zero or more media attribute lines)
	[39] 6
	o
	
	[39] 6
	
	

	c1:
IF A.318/15 THEN m ELSE n/a.

NOTE 1:
For "video" and "audio" media types that utilise RTP/RTCP, it shall be specified. For other media types, it may be specified.


Prerequisite A.318/14 OR A.318/20 - - a= (zero or more session/media attribute lines)

Table A.319: zero or more session / media attribute lines (a=)

	Item
	Field
	Sending
	Receiving

	
	
	Ref.
	RFC status
	Profile status
	Ref.
	RFC status
	Profile status

	1
	category (a=cat)
	[39] 6
	
	
	[39] 6
	
	

	2
	keywords (a=keywds)
	[39] 6
	
	
	[39] 6
	
	

	3
	name and version of tool (a=tool)
	[39] 6
	
	
	[39] 6
	
	

	4
	packet time (a=ptime)
	[39] 6
	
	
	[39] 6
	
	

	5
	maximum packet time (a=maxptime)
	[39] 6
	
	
	[39] 6
	
	

	6
	receive-only mode (a=recvonly)
	[39] 6
	
	
	[39] 6
	
	

	7
	send and receive mode (a=sendrecv)
	[39] 6
	
	
	[39] 6
	
	

	8
	send-only mode (a=sendonly)
	[39] 6
	
	
	[39] 6
	
	

	9
	whiteboard orientation (a=orient)
	[39] 6
	
	
	[39] 6
	
	

	10
	conference type (a=type)
	[39] 6
	
	
	[39] 6
	
	

	11
	character set (a=charset)
	[39] 6
	
	
	[39] 6
	
	

	12
	language tag (a=sdplang)
	[39] 6
	
	
	[39] 6
	
	

	13
	language tag (a=lang)
	[39] 6
	
	
	[39] 6
	
	

	14
	frame rate (a=framerate)
	[39] 6
	
	
	[39] 6
	
	

	15
	quality (a=quality)
	[39] 6
	
	
	[39] 6
	
	

	16
	format specific parameters (a=fmtp)
	[39] 6
	
	
	[39] 6
	
	

	17
	rtpmap attribute (a=rtpmap)
	[39] 6
	
	
	[39] 6
	
	

	18
	current-status attribute (a=curr)
	[30] 5
	c1
	c1
	[30] 5
	c2
	c2

	19
	desired-status attribute (a=des)
	[30] 5
	c1
	c1
	[30] 5
	c2
	c2

	20
	confirm-status attribute (a=conf)
	[30] 5
	c1
	c1
	[30] 5
	c2
	c2

	21
	media stream identification attribute (a=mid)
	[53] 3
	c3
	c3
	[53] 3
	c4
	c4

	22
	group attribute (a=group)
	[53] 4
	c5
	c5
	[53] 3
	c6
	c6

	c1:
IF A.317/22 THEN o ELSE n/a.

c2:
IF A.317/22 THEN m ELSE n/a.

c3:
IF A.317/23 THEN o ELSE n/a.

c4:
IF A.317/23 THEN m ELSE n/a.

c5:
IF A.317/24 THEN o ELSE n/a.

c6:
IF A.317/24 THEN m ELSE n/a.


A.3.2.3
SDP types parameters

Prerequisite A.318/2 - - o= (owner/creator and session identifier)

Table A.320: owner/creator and session identifier type (o=)

	Item
	Field
	Sending
	Receiving

	
	
	Ref.
	RFC status
	Profile status
	Ref.
	RFC status
	Profile status

	1
	username
	[39] 6
	m
	m
	[39] 6
	m
	n/a

	2
	session id
	[39] 6
	m
	m
	[39] 6
	m
	m

	3
	version
	[39] 6
	m
	m
	[39] 6
	m
	m

	4
	network type
	[39] 6
	m
	m
	[39] 6
	m
	n/a

	5
	address type
	[39] 6
	m
	m
	[39] 6
	m
	n/a

	6
	address
	[39] 6
	m
	m
	[39] 6
	m
	n/a


Prerequisite A.318/10 - - t= (time the session is active)

Table A.321: time the session is active type (t=)

	Item
	Field
	Sending
	Receiving

	
	
	Ref.
	RFC status
	Profile status
	Ref.
	RFC status
	Profile status

	1
	start time
	[39] 6
	m
	m
	[39] 6
	m
	n/a

	2
	stop time
	[39] 6
	m
	m
	[39] 6
	m
	n/a


Prerequisite A.318/11 - - r= (zero or more repeat times)

Table A.322: zero or more repeat times (r=)

	Item
	Field
	Sending
	Receiving

	
	
	Ref.
	RFC status
	Profile status
	Ref.
	RFC status
	Profile status

	1
	repeat interval
	[39] 6
	
	n/a
	[39] 6
	
	n/a

	2
	active duration
	[39] 6
	
	n/a
	[39] 6
	
	n/a

	3
	list of offsets from start-time
	[39] 6
	
	n/a
	[39] 6
	
	n/a


Prerquisite A.318/12 - - z= (time zone adjustments)

Table A.323: time zone adjustments type (z=)

	Item
	Field
	Sending
	Receiving

	
	
	Ref.
	RFC status
	Profile status
	Ref.
	RFC status
	Profile status

	1
	adjustment time
	[39] 6
	
	n/a
	[39] 6
	
	n/a

	2
	offset
	[39] 6
	
	n/a
	[39] 6
	
	n/a

	3
	adjustment time
	[39] 6
	
	n/a
	[39] 6
	
	n/a

	4
	offset
	[39] 6
	
	n/a
	[39] 6
	
	n/a


Prerquisite A.318/13 - - k= (encryption key)

Table A.324: encryption key type (k=)

	Item
	Field
	Sending
	Receiving

	
	
	Ref.
	RFC status
	Profile status
	Ref.
	RFC status
	Profile status

	1
	method
	[39] 6
	
	
	[39] 6
	
	

	2
	encryption key
	[39] 6
	
	
	[39] 6
	
	


Prerequisite A.318/15 - - m= (media name and transport address)

Table A.325: media name and transport address type (m=)

	Item
	Field
	Sending
	Receiving

	
	
	Ref.
	RFC status
	Profile status
	Ref.
	RFC status
	Profile status

	1
	media

· ``audio''

· ``video'' 

· ``application''

· ``data'' 

· ``control''
	[39] 6
	
	
	[39] 6
	
	

	2
	port
	[39] 6
	
	
	[39] 6
	
	

	3
	transport
	[39] 6
	
	
	[39] 6
	
	

	4
	fmt list
	[39] 6
	
	
	[39] 6
	
	


Editor's note: It is expected that this table will be expanded, as this is the principle table that will distinguish operation of different entities within the IM CN subsystem.

Prerequisite A.318/17 - - c= (connection information)

Table A.326: connection type (c=)

	Item
	Field
	Sending
	Receiving

	
	
	Ref.
	RFC status
	Profile status
	Ref.
	RFC status
	Profile status

	1
	network type
	[39] 6
	
	
	[39] 6
	
	

	2
	address type
	[39] 6
	
	
	[39] 6
	
	

	3
	connection address
	[39] 6
	
	
	[39] 6
	
	


Prerequisite A.318/18 - - b= (bandwidth information)

Table A.327: bandwidth information (b=)

	Item
	Field
	Sending
	Receiving

	
	
	Ref.
	RFC status
	Profile status
	Ref.
	RFC status
	Profile status

	1
	modifier
	[39] 6,
[56]
	
	o (NOTE 1)
	[39] 6,
[56]
	
	

	2
	bandwidth-value
	[39] 6
	
	o (NOTE 2)
	[39] 6
	
	

	NOTE 1:
For "video" and "audio" media types that utilise RTP/RTCP, the value shall be AS, RR or RS.

NOTE 2:
For "video" and "audio" media types that utilise RTP/RTCP, it shall be specified. For other media types, it may be specified.


A.3.2.4
SDP types parameters within attribute lines

This subclause dos not intend to show an exhaustive list of all the possible attribute values

Prerequisite A.319/22 - - group attribute (a=group)

Table A.327A: group semantics (a=group)

	Item
	Field
	Sending
	Receiving

	
	
	Ref.
	RFC status
	Profile status
	Ref.
	RFC status
	Profile status

	1
	Lip Synchronization (LS)
	[53] 4
	o
	o
	[53] 4
	m
	m

	2
	Flow Identification (FID)
	[53] 4
	o
	o
	[53] 4
	m
	m

	3
	Single Reservation Flow (SRF)
	[54] 2
	o
	m
	[54] 2
	m
	m


A.3.3
Proxy role

This subclause contains the ICS proforma tables related to the user role. They need to be completed only for proxy implementations.

Prerequisite: A.2/2 -- proxy role 

A.3.3.1
Major capabilities

Table A.328: Major capabilities

	Item
	Does the implementation support
	Reference
	RFC status
	Profile status

	
	Capabilities within main protocol
	
	
	

	
	
	
	
	

	
	Extensions
	
	
	

	1
	Integration of resource management and SIP?
	[30]
	o
	n/a

	2
	Grouping of media lines
	[53]
	o
	c1

	3
	Mapping of Media Streams to Resource Reservation Flows
	[54]
	o
	c1

	4
	SDP Bandwidth Modifiers for RTCP Bandwidth
	[56]
	o
	c1

	c1:
IF A.3/2 THEN m ELSE n/a - - P-CSCF role


A.3.3.2
SDP types

Table A.329: SDP types

	Item
	Type
	Sending
	Receiving

	
	
	Ref.
	RFC status
	Profile status
	Ref.
	RFC status
	Profile status

	
	Session level description

	1
	v= (protocol version)
	[39] 6
	m
	m
	[39] 6
	m
	m

	2
	o= (owner/creator and session identifier).
	[39] 6
	m
	m
	[39] 6
	i
	i

	3
	s= (session name)
	[39] 6
	m
	m
	[39] 6
	i
	i

	4
	i= (session information)
	[39] 6
	m
	m
	[39] 6
	i
	i

	5
	u= (URI of description)
	[39] 6
	m
	m
	[39] 6
	i
	i

	6
	e= (email address)
	[39] 6
	m
	m
	[39] 6
	i
	i

	7
	p= (phone number)
	[39] 6
	m
	m
	[39] 6
	i
	i

	8
	c= (connection information)
	[39] 6
	m
	m
	[39] 6
	i
	i

	9
	b= (bandwidth information)
	[39] 6
	m
	m
	[39] 6
	i
	i

	
	Time description (one or more per description)

	10
	t= (time the session is active)
	[39] 6
	m
	m
	[39] 6
	i
	i

	11
	r= (zero or more repeat times)
	[39] 6
	m
	m
	[39] 6
	i
	i

	
	Session level description (continued)

	12
	z= (time zone adjustments)
	[39] 6
	m
	m
	[39] 6
	i
	i

	13
	k= (encryption key)
	[39] 6
	m
	m
	[39] 6
	i
	i

	14
	a= (zero or more session attribute lines)
	[39] 6
	m
	m
	[39] 6
	i
	i

	
	Media description (zero or more per description)

	15
	m= (media name and transport address)
	[39] 6
	m
	m
	[39] 6
	m
	m

	16
	i= (media title)
	[39] 6
	o
	
	[39] 6
	
	

	17
	c= (connection information)
	[39] 6
	o
	
	[39] 6
	
	

	18
	b= (bandwidth information)
	[39] 6
	o
	
	[39] 6
	
	

	19
	k= (encryption key)
	[39] 6
	o
	
	[39] 6
	
	

	20
	a= (zero or more media attribute lines)
	[39] 6
	o
	
	[39] 6
	
	


Prerequisite A.329/14 OR A.329/20 - - a= (zero or more session/media attribute lines)

Table A.330: zero or more session / media attribute lines (a=)

	Item
	Field
	Sending
	Receiving

	
	
	Ref.
	RFC status
	Profile status
	Ref.
	RFC status
	Profile status

	1
	category (a=cat)
	[39] 6
	
	
	[39] 6
	
	

	2
	keywords (a=keywds)
	[39] 6
	
	
	[39] 6
	
	

	3
	name and version of tool (a=tool)
	[39] 6
	
	
	[39] 6
	
	

	4
	packet time (a=ptime)
	[39] 6
	
	
	[39] 6
	
	

	5
	maximum packet time (a=maxptime)
	[39] 6
	
	
	[39] 6
	
	

	6
	receive-only mode (a=recvonly)
	[39] 6
	
	
	[39] 6
	
	

	7
	send and receive mode (a=sendrecv)
	[39] 6
	
	
	[39] 6
	
	

	8
	send-only mode (a=sendonly)
	[39] 6
	
	
	[39] 6
	
	

	9
	whiteboard orientation (a=orient)
	[39] 6
	
	
	[39] 6
	
	

	10
	conference type (a=type)
	[39] 6
	
	
	[39] 6
	
	

	11
	character set (a=charset)
	[39] 6
	
	
	[39] 6
	
	

	12
	language tag (a=sdplang)
	[39] 6
	
	
	[39] 6
	
	

	13
	language tag (a=lang)
	[39] 6
	
	
	[39] 6
	
	

	14
	frame rate (a=framerate)
	[39] 6
	
	
	[39] 6
	
	

	15
	quality (a=quality)
	[39] 6
	
	
	[39] 6
	
	

	16
	format specific parameters (a=fmtp)
	[39] 6
	
	
	[39] 6
	
	

	17
	rtpmap attribute (a=rtpmap)
	[39] 6
	
	
	[39] 6
	
	

	18
	current-status attribute (a=curr)
	[30] 5
	m
	m
	[30] 5
	c2
	c2

	19
	desired-status attribute (a=des)
	[30] 5
	m
	m
	[30] 5
	c2
	c2

	20
	confirm-status attribute (a=conf)
	[30] 5
	m
	m
	[30] 5
	c2
	c2

	21
	media stream identification attribute (a=mid)
	[53] 3
	c3
	c3
	[53] 3
	c4
	c4

	22
	group attribute (a=group)
	[53] 4
	c5
	c6
	[53] 3
	c5
	c6

	c2:
IF A.328/1 THEN m ELSE i.

c3:
IF A.328/2 THEN o ELSE n/a.

c4:
IF A.328/2 THEN m ELSE n/a.

c5:
IF A.328/3 THEN o ELSE n/a.

c6:
IF A.328/3 THEN m ELSE n/a.


A.3.3.3
SDP types parameters

Prerequisite A.329/2 - - o= (owner/creator and session identifier)

Table A.331: owner/creator and session identifier type (o=)

	Item
	Field
	Sending
	Receiving

	
	
	Ref.
	RFC status
	Profile status
	Ref.
	RFC status
	Profile status

	1
	username
	[39] 6
	m
	m
	[39] 6
	m
	m

	2
	session id
	[39] 6
	m
	m
	[39] 6
	m
	m

	3
	version
	[39] 6
	m
	m
	[39] 6
	m
	m

	4
	network type
	[39] 6
	m
	m
	[39] 6
	m
	m

	5
	address type
	[39] 6
	m
	m
	[39] 6
	m
	m

	6
	address
	[39] 6
	m
	m
	[39] 6
	m
	m


Prerequisite A.329/10 - - t= (time the session is active)

Table A.332: time the session is active type (b=)

	Item
	Field
	Sending
	Receiving

	
	
	Ref.
	RFC status
	Profile status
	Ref.
	RFC status
	Profile status

	1
	start time
	[39] 6
	
	
	[39] 6
	
	

	2
	stop time
	[39] 6
	
	
	[39] 6
	
	


Prerequisite A.329/11 - - r= (zero or more repeat times)

Table A.333: zero or more repeat times (r=)

	Item
	Field
	Sending
	Receiving

	
	
	Ref.
	RFC status
	Profile status
	Ref.
	RFC status
	Profile status

	1
	repeat interval
	[39] 6
	
	
	[39] 6
	
	

	2
	active duration
	[39] 6
	
	
	[39] 6
	
	

	3
	list of offsets from start-time
	[39] 6
	
	
	[39] 6
	
	


Prerequisite A.329/12 - - z= (time zone adjustments)

Table A.334: time zone adjustments type (z=)

	Item
	Field
	Sending
	Receiving

	
	
	Ref.
	RFC status
	Profile status
	Ref.
	RFC status
	Profile status

	1
	adjustment time
	[39] 6
	
	
	[39] 6
	
	

	2
	offset
	[39] 6
	
	
	[39] 6
	
	

	3
	adjustment time
	[39] 6
	
	
	[39] 6
	
	

	4
	offset
	[39] 6
	
	
	[39] 6
	
	


Prerequisite A.329/13 - - k= (encryption key)

Table A.335: encryption key type (k=)

	Item
	Field
	Sending
	Receiving

	
	
	Ref.
	RFC status
	Profile status
	Ref.
	RFC status
	Profile status

	1
	method
	[39] 6
	
	
	[39] 6
	
	

	2
	encryption key
	[39] 6
	
	
	[39] 6
	
	


Prerequisite A.329/15 - - m= (media name and transport address)

Table A.336: media name and transport address type (m=)

	Item
	Field
	Sending
	Receiving

	
	
	Ref.
	RFC status
	Profile status
	Ref.
	RFC status
	Profile status

	1
	media

· ``audio''

· ``video'' 

· ``application''

· ``data'' 

· ``control''
	[39] 6
	
	
	[39] 6
	
	

	2
	port
	[39] 6
	
	
	[39] 6
	
	

	3
	transport
	[39] 6
	
	
	[39] 6
	
	

	4
	fmt list
	[39] 6
	
	
	[39] 6
	
	


Editor's note: It is expected that this table will be expanded, as this is the principle table that will distinguish operation of different entities within the IM CN subsystem.

Prerequisite A.329/17 - - c= (connection information)

Table A.337: connection type (c=)

	Item
	Field
	Sending
	Receiving

	
	
	Ref.
	RFC status
	Profile status
	Ref.
	RFC status
	Profile status

	1
	network type
	[39] 6
	
	
	[39] 6
	
	

	2
	address type
	[39] 6
	
	
	[39] 6
	
	

	3
	connection address
	[39] 6
	
	
	[39] 6
	
	


Prerequisite A.329/18 - - b= (bandwidth information)

Table A.338: bandwidth information (b=)

	Item
	Field
	Sending
	Receiving

	
	
	Ref.
	RFC status
	Profile status
	Ref.
	RFC status
	Profile status

	1
	modifier
	[39] 6,
[56]
	
	
	[39] 6,
[56]
	
	

	2
	bandwidth-value
	[39] 6
	
	
	[39] 6
	
	


A.3.3.4
SDP types parameters within attribute lines

The subclause does not intend to show an exhaustive list of all the possible attribute values.

Prerequisite A.330/22 -- group attribute (a=group)

Table A.339: group semantics (a=group)

	Item
	Field
	Sending
	Receiving

	
	
	Ref.
	RFC status
	Profile status
	Ref.
	RFC status
	Profile status

	1
	Lip Synchronization (LS)
	[53] 4
	m
	m
	[53] 4
	i
	i

	2
	Flow Identification (FID)
	[53] 4
	m
	m
	[53] 4
	i
	i

	3
	Single Reservation Flow (SRF)
	[54] 2
	o
	m
	[54] 2
	m
	m
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