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Proposal

The proposal has been modified to reflect agreements reached during discussion of the previous version of this document in N1-020574.

The document proposes the following to 24.229:

· Add the SigComp draft to the references.

· Modify the text in clause 8.

· Add requirement for the UE to support SigComp.

Additionally, Editor’s Notes have been added on the following issues:

· Is a default SIP compression algorithm needed within SigComp?  

According to draft-ietf-rohc-sigcomp-04.txt, it is not necessary to standardize a compression algorithm for use with the UDVM.   However, 3GPP may decide this is necessary for interoperability or proof of testing. 

An editor’s note has been added to 24.229 Section 8 stating that this is FFS.

· Is negotiation necessary?

According to the IETF SigComp draft, compression algorithm negotiation (within SigComp) is not necessary.  However, the terminal capabilities necessary to instantiate SigComp need to be communicated.

An editor’s note has been added to 24.229 Section 8 stating that compression shim negotiation is FFS.
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8
SIP compression

8.1
SIP compression procedures at the UE

8.1.1
SIP compression negotiation

Editors Note: The point at which SIP compression algorithm negotiation takes place after gaining IP connectivity and the mechanisms for delivering the list of UE supported SIP compression algorithms and for informing the UE of the selected algorithm are FFS.

The UE shall support SigComp as specified in draft-ietf-rohc-sigcomp-04.txt [27]. Any extenstions to SigComp and negotiation of alternative compression shims are FFS.

Editor’s Note: Standardization of default algorithm(s) within SigComp is FFS.

8.1.2
Compression of SIP requests and responses transmitted to the P-CSCF

The UE shall compress the SIP requests and responses transmitted to the P-CSCF according to the SIP compression attributes in clause 8.1.1.
8.1.3
Decompression of SIP requests and responses received from the P-CSCF

The UE shall decompress the compressed SIP requests and responses received from the P-CSCF according to the SIP compression attributes in clause 8.1.1.

8.2
SIP compression procedures at the P-CSCF

8.2.1
SIP compression negotiation

Editors Note: The point at which SIP compression algorithm negotiation takes place after gaining IP connectivity and the mechanisms for delivering the list of UE supported SIP compression algorithms and for informing the UE of the selected algorithm are FFS.

If SIP compression is supported, the P-CSCF shall support SigComp as specified in draft-ietf-rohc-sigcomp-04.txt [27]. Any extenstions to SigComp and negotiation of alternative compression shims are FFS.

Editor’s Note: Standardization of default algorithm(s) within SigComp is FFS.

8.2.2
Compression of SIP requests and responses transmitted to the UE

The P-CSCF may compress the SIP requests and responses transmitted to the UE according to the SIP compression attributes in clause 8.2.1.

8.2.3
Decompression of SIP requests and responses received from the UE

The P-CSCF shall decompress the compressed SIP requests and responses received from the UE according to the SIP compression attributes in clause 8.2.1.
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