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12.2.4
Abnormal cases

If the SC UE engaged in one or more ongoing IMS sessions receives a SM NOTIFICATION message containing an "SRVCC handover cancelled, IMS session re-establishment required" as described in 3GPP TS 24.008 [8] or 3GPP TS 24.301 [19] depending on the access in use, then the SC UE shall send a SIP re-INVITE request containing 
1)
an SDP offer, including the media characteristics as used in the existing dialog; and
2)
a Reason header field containing protocol "Q.850" and reason parameter "cause" with value "44" as specified in [rfc3326];

by following the rules of 3GPP TS 24.229 [2] in each transferred session.

****************** change 3 ******************

12.3.3
SCC AS procedures for SR-VCC, abnormal case

When the SCC AS receives a SIP re-INVITE request containing Reason header field containing protocol "Q.850" and reason parameter "cause" with value "44" on 
-
the original source access leg; or 

-
if the SCC AS applies the MSC Server assisted mid-call feature, the original source access leg of the additional transferred session;
after having initiated an access transfer that was triggered by a SIP INVITE request due to STN-SR and the SIP INVITE request due to STN-SR transaction is not yet completed then the SCC AS shall wait until this transaction has completed and then continue with the steps described below.

When the SCC AS receives a SIP re-INVITE request(s) containing protocol "Q.850" and reason parameter "cause" with value 44 after having performed an access transfer that was triggered by a SIP INVITE request due to STN-SR, then the SCC AS shall:

1)
not release the original access leg once the expiration of that timer as described in subclause 12.3.1; and 

2)
treat the SIP re-INVITE request(s) as per procedures for removing and adding media as described in subclause 13.3.1.

NOTE: 
The SCC AS assigns an operator specific timer to delay the release of the Source Access Leg for SR-VCC access transfer.

When the SCC AS receives a SIP response to the SIP re-INVITE indicating success in removing all media components from a dialog that was created due to the SIP INVITE request due to STN-SR then the SCC AS shall send a SIP BYE request on this dialog, by following the rules of 3GPP TS 24.229 [2].




























































