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1. Introduction
RAN5 has defined test cases for Rel-5 IMS emergency call handling. In test case 14.2 "Emergency Call Initiation – 380 Alternative Service" of 3GPP TS 34.229 v5.0.0 the system simulator will respond to the INVITE sent by the UE with 380 (Alternative Service) response, in accordance to 3GPP TS 24.229 Rel-5 clause 5.1.6 Emergency service:
"In the event the UE receives a 380 (Alternative Service) response to an INVITE request the response containing a XML body that includes an <alternative service> element with the <type> child element set to "emergency", the UE shall automatically:

-
send an ACK request to the P-CSCF as per normal SIP procedures;

-
attempt an emergency call setup according to the procedures described in 3GPP TS 24.008 [8]."
However RAN5 has not been able to reach an agreement about the applicability statement for this test case. Currently the applicability statement of the test case includes the following statement: "UE is capable of initiating a bidirectional voice session over IMS (Yes/No)". Doubts have been raised whether this statement is needed or not.
The issue is whether the UE is required to set up the emergency call over CS domain also when the SDP offer from the UE does not contain a voice component but only other kind of media types like video, text chat, gaming data etc. 
2. Action to CT1:
RAN5 kindly asks CT1 to clarify the following:
When receiving the 380 (Alternative Service) response, shall the UE attempt to set up the emergency call over CS domain as specified in 3GPP TS 24.008, regardless of the type of session and medias included to the SDP offer within the INVITE from the UE ? Or is the UE instead required to set up the emergency call over CS domain only when the SDP offer within the INVITE contained a bidirectional audio (i.e. voice call) component ?
3. Date of Next TSG-RAN WG5 Meetings:
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