Page 1



3GPP TSG-CT1 Meeting #43
Tdoc C1-061496
Da Lian, China, 28 August – 1 September 2006
	CR-Form-v8

	CHANGE REQUEST

	

	(

	TS24.229
	CR
	1430
	(

rev
	-
	(

Current version:
	7.4.0
	(


	

	For HELP on using this form, see bottom of this page or look at the pop-up text over the (
 symbols.

	


	Proposed change affects:
(

	UICC apps(

	
	ME
	
	Radio Access Network
	
	Core Network
	x


	

	Title:
(

	Addition of  the cpc parameter to TS24.229

	
	

	Source:
(

	T-Mobile

	
	

	Work item code:
(

	FBI
	
	Date: (

	15/08/2006

	
	
	
	
	

	Category:
(

	B
	
	Release: (

	Rel 7

	
	Use one of the following categories:
F  (correction)
A  (corresponds to a correction in an earlier release)
B  (addition of feature), 
C  (functional modification of feature)
D  (editorial modification)

Detailed explanations of the above categories can
be found in 3GPP TR 21.900.
	Use one of the following releases:
Ph2
(GSM Phase 2)
R96
(Release 1996)
R97
(Release 1997)
R98
(Release 1998)
R99
(Release 1999)
Rel-4
(Release 4)
Rel-5
(Release 5)
Rel-6
(Release 6)
Rel-7
(Release 7)
Rel-8
(Release 8)


	
	

	Reason for change:
(

	For Alingment with TISPAN extensions for the Core SIP it is proposed to add the cpc definition to TS24.229.
Within ETSI TISPAN the cpc is defined as an ANNEX within TS283 003. So it is proposed to take the same approach for the meantime until the IETF solution will be finalised.

	
	

	Summary of change:
(

	Add Section for introduction of an SIP and Tel uri parameter cpc

	
	

	Consequences if 
(

not approved:
	TISPAN and 3GPP IMS will deviate. No seamless interworking with TSPAN NGN and PSTN is possible

	
	

	Clauses affected:
(

	2, 3.2, 4.4, 5.1.2A, 5.7.1.7, 7.2A.8, Table 4, A.2.2.2

	
	

	
	Y
	N
	
	

	Other specs
(

	x
	
	 Other core specifications
(

	TS29.163

	affected:
	
	
	 Test specifications
	

	
	
	
	 O&M Specifications
	

	
	

	Other comments:
(

	See C3_060323 provided to CT3


How to create CRs using this form:

Comprehensive information and tips about how to create CRs can be found at http://www.3gpp.org/specs/CR.htm.  Below is a brief summary:

1)
Fill out the above form. The symbols above marked (
 contain pop-up help information about the field that they are closest to.

2)
Obtain the latest version for the release of the specification to which the change is proposed. Use the MS Word "revision marks"  feature (also known as "track changes") when making the changes. All 3GPP specifications can be downloaded from the 3GPP server under ftp://ftp.3gpp.org/specs/ For the latest version, look for the directory name with the latest date e.g. 2001-03 contains the specifications resulting from the March 2001 TSG meetings.

3)
With "track changes" disabled, paste the entire CR form (use CTRL-A to select it) into the specification just in front of the clause containing the first piece of changed text.  Delete those parts of the specification which are not relevant to the change request.

*******First Change*******
2
References
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3GPP TS 23.002: "Network architecture".

[3]
3GPP TS 23.003: "Numbering, addressing and identification".

[4]
3GPP TS 23.060: "General Packet Radio Service (GPRS); Service description; Stage 2".

[4A]
3GPP TS 23.107: "Quality of Service (QoS) concept and architecture".

[4B]
3GPP TS 23.167: "IP Multimedia Subsystem (IMS) emergency sessions".

[5]
3GPP TS 23.218: "IP Multimedia (IM) Session Handling; IM call model".

[6]
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[7]
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[7A]
3GPP TS 23.234: "3GPP system to Wireless Local Area Network (WLAN) interworking; System description".

[8]
3GPP TS 24.008: "Mobile radio interface layer 3 specification; Core Network protocols; Stage 3".

[8A]
3GPP TS 24.141: "Presence service using the IP Multimedia (IM) Core Network (CN) subsystem; Stage 3".

[8B]
3GPP TS 24.147: "Conferencing using the IP Multimedia (IM) Core Network (CN) subsystem; Stage 3".
[8C]
3GPP TS 24.234: "3GPP System to Wireless Local Area Network (WLAN) interworking; User Equipment (UE) to network protocols; Stage 3".

[8D]
3GPP TS 23.167: "IP Multimedia Subsystem (IMS) emergency session; Stage 2".
[9]
3GPP TS 25.304: "UE Procedures in Idle Mode and Procedures for Cell Reselection in Connected Mode".

[9A]
3GPP TS 25.331: "Radio Resource Control (RRC); Protocol Specification".

[10]
3GPP TS 26.235: "Packet switched conversational multimedia applications; Default codecs".

[10A]
3GPP TS 27.060: "Mobile Station (MS) supporting Packet Switched Services".

[11]
3GPP TS 29.061: "Interworking between the Public Land Mobile Network (PLMN) supporting Packet Based Services and Packet Data Networks (PDN)".

[11A]
3GPP TS 29.162: "Interworking between the IM CN subsystem and IP networks".

[11B]
3GPP TS 29.163: "Interworking between the IP Multimedia (IM) Core Network (CN) subsystem and Circuit Switched (CS) networks".

[11C]
3GPP TS 29.161: "Interworking between the Public Land Mobile Network (PLMN) supporting Packet Based Services with Wireless Local Access and Packet Data Networks (PDN "

[12]
3GPP TS 29.207: "Policy control over Go interface".

[13]
3GPP TS 29.208: "End to end Quality of Service (QoS) signalling flows".

[13A]
3GPP TS 29.209: "Policy control over Gq interface".

[14]
3GPP TS 29.228: "IP Multimedia (IM) Subsystem Cx and Dx Interfaces; Signalling flows and message contents".

[15]
3GPP TS 29.229: "Cx and Dx Interfaces based on the Diameter protocol, Protocol details".

[16]
3GPP TS 32.240: "Telecommunication management; Charging management; Charging architecture and principles".

[17]
3GPP TS 32.260: "Telecommunication management; Charging management; IP Multimedia Subsystem (IMS) charging".

[18]
3GPP TS 33.102: "3G Security; Security architecture".

[19]
3GPP TS 33.203: "Access security for IP based services".

[19A]
3GPP TS 33.210: "IP Network Layer Security".

[20]
3GPP TS 44.018: "Mobile radio interface layer 3 specification, Radio Resource Control Protocol".

[20A]
RFC 2401 (November 1998): "Security Architecture for the Internet Protocol".

[20B]
RFC 1594 (March 1994): "FYI on Questions and Answers to Commonly asked "New Internet User" Questions".

[20C]
Void.

[20D]
Void.

[20E]
RFC 2462 (November 1998): "IPv6 Address Autoconfiguration".

[20F]
RFC 2132 (March 1997): "DHCP Options and BOOTP Vendor Extensions".

[21]
RFC 2617 (June 1999): "HTTP Authentication: Basic and Digest Access Authentication".
[22]
RFC 3966 (December 2004): "The tel URI for Telephone Numbers".

[23]
RFC 2833 (May 2000): "RTP Payload for DTMF Digits, Telephony Tones and Telephony Signals".

[24]
RFC 3761 (April 2004): "The E.164 to Uniform Resource Identifiers (URI) Dynamic Delegation Discovery System (DDDS) Application (ENUM)".

[25]
RFC 2976 (October 2000): "The SIP INFO method".

[25A]
RFC 3041 (January 2001): "Privacy Extensions for Stateless Address Autoconfiguration in IPv6".

[26]
RFC 3261 (June 2002): "SIP: Session Initiation Protocol".

[27]
RFC 3262 (June 2002): "Reliability of provisional responses in Session Initiation Protocol (SIP)".

[27A]
RFC 3263 (June 2002): " Session Initiation Protocol (SIP): Locating SIP Servers".

[27B]
RFC 3264 (June 2002): "An Offer/Answer Model with Session Description Protocol (SDP)".

[28]
RFC 3265 (June 2002): "Session Initiation Protocol (SIP) Specific Event Notification".

[29]
RFC 3311 (September 2002): "The Session Initiation Protocol (SIP) UPDATE method".

[30]
RFC 3312 (October 2002): "Integration of resource management and Session Initiation Protocol (SIP)".

[31]
RFC 3313 (January 2003): "Private Session Initiation Protocol (SIP) Extensions for Media Authorization".

[32]
RFC 3320 (March 2002): "Signaling Compression (SigComp)".

[33]
RFC 3323 (November 2002): "A Privacy Mechanism for the Session Initiation Protocol (SIP)".

[34]
RFC 3325 (November 2002): "Private Extensions to the Session Initiation Protocol (SIP) for Network Asserted Identity within Trusted Networks".

[34A]
RFC 3326 (December 2002): "The Reason Header Field for the Session Initiation Protocol (SIP)".

[35]
RFC 3327 (December 2002): "Session Initiation Protocol Extension Header Field for Registering Non-Adjacent Contacts".

[35A]
RFC 3361 (August 2002): "Dynamic Host Configuration Protocol (DHCP-for-IPv4) Option for Session Initiation Protocol (SIP) Servers".

[36]
RFC 3515 (April 2003): "The Session Initiation Protocol (SIP) REFER method".

[37]
RFC 3420 (November 2002): "Internet Media Type message/sipfrag".

[38]
RFC 3608 (October 2003): "Session Initiation Protocol (SIP) Extension Header Field for Service Route Discovery During Registration".

[39]
draft-ietf-mmusic-sdp-new-26 (January 2006): "SDP: Session Description Protocol".

Editor's note: The above document cannot be formally referenced until it is published as an RFC.

[40]
RFC 3315 (July 2003): "Dynamic Host Configuration Protocol for IPv6 (DHCPv6)".

[40A]
RFC 2131 (March 1997): “Dynamic host configuration protocol”.

[41]
RFC 3319 (July 2003): "Dynamic Host Configuration Protocol (DHCPv6) Options for Session Initiation Protocol (SIP) Servers".

[42]
RFC 3485 (February 2003): "The Session Initiation Protocol (SIP) and Session Description Protocol (SDP) static dictionary for Signaling Compression (SigComp)".
[43]
RFC 3680 (March 2004): "A Session Initiation Protocol (SIP) Event Package for Registrations".

[44]
Void.

[45]
Void.

[46]
Void.

[47]
Void.

[48]
RFC 3329 (January 2003): "Security Mechanism Agreement for the Session Initiation Protocol (SIP)".

[49]
RFC 3310 (September 2002): "Hypertext Transfer Protocol (HTTP) Digest Authentication Using Authentication and Key Agreement (AKA)".

[50]
RFC 3428 (December 2002): "Session Initiation Protocol (SIP) Extension for Instant Messaging".

[51]
Void.

[52]
RFC 3455 (January 2003): "Private Header (P-Header) Extensions to the Session Initiation Protocol (SIP) for the 3rd-Generation Partnership Project (3GPP)".

[53]
RFC 3388 (December 2002): "Grouping of Media Lines in Session Description Protocol".

[54]
RFC 3524 (April 2003): "Mapping of Media Streams to Resource Reservation Flows".

[55]
RFC 3486 (February 2003): "Compressing the Session Initiation Protocol (SIP)".

[56]
RFC 3556 (July 2003): "Session Description Protocol (SDP) Bandwidth Modifiers for RTP Control Protocol (RTCP) Bandwidth".

[56A]
RFC 3581 (August 2003): "An Extension to the Session Initiation Protocol (SIP) for Symmetric Response Routing".

[56B]
RFC 3841 (August 2004): "Caller Preferences for the Session Initiation Protocol (SIP)"

[56C]
RFC 3646 (December 2003): "DNS Configuration options for Dynamic Host Configuration Protocol for IPv6 (DHCPv6)".

[57]
ITU-T Recommendation E.164: "The international public telecommunication numbering plan".

[58]
RFC 4028 (April 2005): "Session Timers in the Session Initiation Protocol (SIP)".

[59]
RFC 3892 (September 2004): "The Session Initiation Protocol (SIP) Referred-By Mechanism".
[60]
RFC 3891 (September 2004): "The Session Inititation Protocol (SIP) "Replaces" Header".

[61]
RFC 3911 (October 2004): "The Session Inititation Protocol (SIP) "Join" Header".

[62]
RFC 3840 (August 2004): "Indicating User Agent Capabilities in the Session Initiation Protocol (SIP)"

[63]
RFC 3861 (August 2004): "Address Resolution for Instant Messaging and Presence".

[63A]
RFC 3948 (January 2005): "UDP Encapsulation of IPsec ESP Packets".

[64]
RFC 4032 (March 2005): "Update to the Session Initiation Protocol (SIP) Preconditions Framework".

[65]
RFC 3842 (August 2004) "A Message Summary and Message Waiting Indication Event Package for the Session Initiation Protocol (SIP)"

[66]
RFC 4244 (November 2005): "An Extension to the Session Initiation Protocol (SIP) for Request History Information".

[67]
draft-ietf-sip-acr-code-00 (January 2006): "Rejecting Anonymous Requests in the Session Initiation Protocol (SIP)".
Editor's note: The above document cannot be formally referenced until it is published as an RFC.

[68]
RFC 4458 (January 2006): "Session Initiation Protocol (SIP) URIs for Applications such as Voicemail and Interactive Voice Response (IVR)".
[69]
draft-ietf-ecrit-service-urn-02 (April 2006): "A Uniform Resource Name (URN) for Services ".

Editor's note: The above document cannot be formally referenced until it is published as an RFC.

[70]
RFC 3903 (October 2004): "An Event State Publication Extension to the Session Initiation Protocol (SIP)".

[71]
Void. 

[72]
RFC 3857 (August 2004): "A Watcher Information Event Template Package for the Session Initiation Protocol (SIP)".

[74]
RFC 3856 (August 2004): "A Presence Event Package for the Session Initiation Protocol (SIP)".

[74A]
RFC 3603 (October 2003): "Private Session Initiation Protocol (SIP) Proxy-to-Proxy Extensions for Supporting the PacketCable Distributed Call Signaling Architecture".

[75]
draft-ietf-simple-event-list-07 (December 2004): "A Session Initiation Protocol (SIP) Event Notification Extension for Resource Lists".

Editor's note: The above document cannot be formally referenced until it is published as an RFC.

[77]
draft-ietf-sipping-config-framework-07 (July 2005): "A Framework for Session Initiation Protocol User Agent Profile Delivery".
Editor's note: The above document cannot be formally referenced until it is published as an RFC.

[78]
draft-ietf-sipping-conference-package-12 (July 2005): "A Session Initiation Protocol (SIP) Event Package for Conference State".
Editor's note: The above document cannot be formally referenced until it is published as an RFC.

[79]
draft-ietf-rohc-sigcomp-sip-01 (February 2004): "Applying Signaling Compression (SigComp) to the Session Initiation Protocol (SIP)".
Editor's note: The above document cannot be formally referenced until it is published as an RFC.

[80]
RFC 3825 (July 2004): "Dynamic Host Configuration Protocol Option for Coordinate-based Location Configuration Information".

[81]
draft-ietf-geopriv-dhcp-civil-08 (December 2005): "Dynamic Host Configuration Protocol (DHCPv4 and DHCPv6) Option for Civic Addresses Configuration Information".

Editor's note: The above document cannot be formally referenced until it is published as an RFC.

[82]
RFC 4457 (April 2006) "The Session Initiation Protocol (SIP) P-User-Database Private-Header (P-header)".

[83]
RFC 4145 (September 2005): "TCP-Based Media Transport in the Session Description Protocol (SDP)".
[84]
RFC 4320 (January 2006): "Actions Addressing Identified Issues with the Session Initiation Protocol's (SIP) Non-INVITE Transaction".

[85]
3GPP2 C.S0005-D (March 2004), "Upper Layer (Layer 3) Signaling Standard for cdma2000 Standards for Spread Spectrum Systems".

[86]
3GPP2 C.S0024-A v1.0 (April 2004), "cdma2000 High Rate Packet Data Air Interface Standard".

[87]
ITU-T Recommendation J.112, "Transmission Systems for Interactive Cable Television Services"

[88]
PacketCable Release 2 Technical Report, PacketCable™ Architecture Framework Technical Report, PKT-TR-ARCH-FRM.

[89]
draft-ietf-sip-location-conveyance-02 (March 2006) "Session Initiation Protocol Location Conveyance".

Editor's note: The above document cannot be formally referenced until it is published as an RFC.

[90]
RFC 4119 (December 2005) "A Presence-based GEOPRIV Location Object Format".

[xx]
draft draft-mahy-iptel-cpc-03.txt

Editor's note: The above document cannot be formally referenced until it is published as an RFC.

*******End of first Change*******

*******Second Change*******
3.2
Abbreviations

For the purposes of the present document, the following abbreviations apply:

1xx
A status-code in the range 101 through 199, and excluding 100

2xx
A status-code in the range 200 through 299

AAA
Authentication, Authorization and Accounting

AS
Application Server

APN
Access Point Name

AUTN
Authentication TokeN

B2BUA
Back-to-Back User Agent

BGCF
Breakout Gateway Control Function

c
conditional

BRAS
Broadband Remote Access Server

CCF
Charging Collection Function

CDF
Charging Data Function

CDR
Charging Data Record

CK
Ciphering Key

CN
Core Network

CPC
Calling Party’s Category
CSCF
Call Session Control Function

DHCP
Dynamic Host Configuration Protocol

DNS
Domain Name System

DOCSIS
Data Over Cable Service Interface Specification

DTD
Document Type Definition

EC
Emergency Centre

ECF
Event Charging Function

E-CSCF
Emergency CSCF

FQDN
Fully Qualified Domain Name

GCID
GPRS Charging Identifier 

GGSN
Gateway GPRS Support Node

GPRS
General Packet Radio Service

HSS
Home Subscriber Server

i
irrelevant

IBCF
Interconnection Border Control Function

I-CSCF
Interrogating CSCF

ICID
IM CN subsystem Charging Identifier
IK
Integrity Key

IM
IP Multimedia

IMS
IP Multimedia core network Subsystem

IMS-ALG
IMS Application Level Gateway 

IMSI
International Mobile Subscriber Identity

IOI
Inter Operator Identifier
IP
Internet Protocol

IP-CAN
IP-Connectivity Access Network

IPsec
IP security

IPv4
Internet Protocol version 4

IPv6
Internet Protocol version 6

ISC
IP Multimedia Subsystem Service Control

ISIM
IM Subscriber Identity Module

I-WLAN
Interworking – WLAN

IWF
Interworking Function

LRF
Location Retrieval Function

m
mandatory

MAC
Message Authentication Code

MCC
Mobile Country Code

MGCF
Media Gateway Control Function

MGW
Media Gateway

MNC
Mobile Network Code

MRFC
Multimedia Resource Function Controller

MRFP
Multimedia Resource Function Processor

n/a
not applicable

NAI
Network Access Identifier
NA(P)T
Network Address (and Port) Translation

NASS
Network Attachement Subsystem

NAT
Network Address Translation

o
optional

OCF
Online Charging Function

P-CSCF
Proxy CSCF

PDF
Policy Decision Function

PDG
Packet Data Gateway

PDP
Packet Data Protocol

PDU
Protocol Data Unit

PLMN
Public Land Mobile Network

PSAP
Public Safety Answering Point

PSI
Public Service Identity

PSTN
Public Switched Telephone Network

QoS
Quality of Service

RAND
RANDom challenge

RES
RESponse

RTCP
Real-time Transport Control Protocol

RTP
Real-time Transport Protocol

S-CSCF
Serving CSCF

SDP
Session Description Protocol

SIP
Session Initiation Protocol

SLF
Subscription Locator Function

SQN
SeQuence Number

UA
User Agent

UAC
User Agent Client

UAS
User Agent Server

UDVM
Universal Decompressor Virtual Machine

UE
User Equipment

UICC
Universal Integrated Circuit Card

URI
Uniform Resource Identifier

URL
Uniform Resource Locator

URN
Uniform Resource Name

UDVM
Universal Decompressor Virtual Machine

USIM
Universal Subscriber Identity Module

WLAN
Wireless Local Area Network

x
prohibited

xDSL
Digital Subscriber Line (all types)

XMAC
expected MAC

XML
eXtensible Markup Language

*******End of second Change*******

*******Third Cange*******
Annex ZA (normative):
Cpc parameter definition

ZA.1
Introduction

This annex defines the use of the "cpc" URI parameter for use within SIP URI and Tel URI. 

NOTE:
This annex is based on draft-mahy-iptel-cpc-03.txt and can be removed when the internet draft becomes an RFC and the usage of the cpc is allowed for SIP URI. If this solution does not become an RFC, this parameter will be documented in the present document.

The Calling Party's Category is represented as a tel URI or SIP URI parameter in a SIP request. The ABNF syntax is as follows: 

cpc = cpc-tag "=" cpc-value 
cpc-tag = "cpc" 
cpc-value 
= "ordinary" / "test" / "operator" / 

"payphone" / "priority" / "data" / "unknown" / 

genvalue 

genvalue = 1*(alphanum / "-" / "." )

The Accept-Contact header shall be used to express the language of the operator.

The semantics of these Calling Party's Category values are described below:

ordinary: The caller has been identified, and has no special features.

test: This is a test call that has been originated as part of a maintenance procedure.

operator: The call was generated by an operator position.

payphone: The calling station is a payphone.

priority: Calling subscriber with priority.

data: Data call (voice band data).
unknown: The CPC could not be ascertained.

NOTE 1:
The choice of CPC values and their use are up to the Service Provider. CPC values can be exchanged across networks if specified in a bilateral agreement between the service providers.
NOTE 2:
Additional national/regional CPC values may exist (e.g. prison, police, hotel, hospital, cellular, cellular-roaming., etc.)

ZA.2
Trust domain

Entities in the IM CN subsystem shall restrict cpc tel URI or SIP URI parameter to specific domains that are trusted and support the cpc parameter. Therefore for the purpose of the cpc parameter within this specification, a trust domain also applies. This trust domain is identical to that of the P-Asserted-Identity. SIP functional entities within the trust domain will need to remove the cpc parameter when the contents of the P-Asserted-Identity header are inserted into the History-Info header. 

If the communication is to be passed to an untrusted network or a network not supporting the cpc the cpc parameter shall be removed.

ZA.3
Procedures at the originating UE

The cpc shall not be populated at the originating UE.

ZA.4
Procedures at the originating P-CSCF

No special requirement.

ZA.5
Procedures at the originating S-CSCF

No special requirement.

ZA.6
Procedures at the I-CSCF

No special requirement.

ZA.7
Procedures at the IBCF

No special requirement. 

ZA.8
Procedures at the terminating P-CSCF

No special requirement. 

ZA.9
Procedures at the AS at the originating network

The AS may populate the cpc parameter in each initial request for a dialog or a request for a standalone transaction in the tel URI or SIP URI of the P-Asserted-Identity based on their origin source. 

ZA.10
Extensions needed in table A.4 of TS 24.229
Table A.4: Major capabilities

	Item
	Does the implementation support
	Reference
	RFC status
	Profile status

	
	Capabilities within main protocol
	
	
	

	
	
	
	
	

	
	
	
	
	

	
	
	
	
	

	
	
	
	
	

	
	
	
	
	

	
	
	
	
	

	XX
	an extension to the session initiation protocol for request cpc information?
	[xx]
	o (NOTE)
	cxx

	cxx
A.3/2 OR A.3/3 OR A.3/4 OR A.3.5 OR A.3/6 OR A.3/7 OR A.3/8 THEN o ELSE n/a - - cpc URI parameter



	NOTE:
It has to be clarified within the draft that the cpc value belongs to the trust domain and shall not be populated by  UE’s


ZA.11
Extensions needed in table A.162 of TS 24.229
Table A.162: Major capabilities

	Item
	Does the implementation support
	Reference
	RFC status
	Profile status

	
	Capabilities within main protocol
	
	
	

	
	
	
	
	

	
	
	
	
	

	
	
	
	
	

	XX
	an extension to the session initiation protocol for request cpc information?
	[xx]
	o (NOTE)
	cxx

	cxx
A.3/2 OR A.3/3 OR A.3/4 OR A.3.5 OR A.3/6 OR A.3/7 OR A.3/8 THEN o ELSE n/a - - cpc URI parameter



	NOTE:
It has to be clarified within the draft that the cpc value belongs to the trust domain and shall not be populated by  UE’s


*******End of third Change*******
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