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1. Introduction
Clause B.1.1 contains a list of originating and terminating call flow examples that should be described. An originating call flow when the originating user uses an alternative identity is included in that list.
2. Reason for Change
An originating call flow when the originating user uses an alternative identity is still not described in annex B.
3. Conclusions

An originating call flow when the originating user uses an alternative identity that the UE has registered should be added in annex B.
4. Proposal

It is proposed to agree the following changes to 3GPP TS 24.174 v0.4.0.
*** First Change ***

B.1.2
Identity conventions used in this annex

A native identity is designated A-native or B-native in the flows for originating and terminating users, respectively. In the coding examples tel:+11111111 is used for originating native identities and tel:+11112222 is used for terminating native identities.

An alternative identity that the UE has registered is designated A-AltId-r or B-AltId-r in the flows for originating and terminating users, respectively. In the coding examples tel:+22221111 is used for originating alternative identities and tel:+22222222 is used for terminating alternative identities.

An alternative identity that the UE has not registered but the UE is authorized to use this alternative identity based on configuration in the user's service data is designated A-AltIdn-nr or B-AltIdn-nr in the flows for originating and terminating users, respectively. In the coding examples tel:+55551111 is used for originating alternative identities and tel:+55555555 is used for terminating alternative identities.

An external alternative identity is designated A-ExtAltId or B-ExtAltId in the flows for originating and terminating users, respectively. In the coding examples tel:+33331111 is used for originating external alternative identities and tel:+33332222 is used for terminating external alternative identities.

A virtual identity is designated A-VirtId or B-VirtId in the flows for originating and terminating users, respectively. In the coding examples tel:+44441111 is used for originating virtual identities and tel:+44442222 is used for terminating virtual identities.

*** Second Change ***

B.2.1.x
UE-A indicates an alternative identity registered by the UE
This call flow illustrates the handling of the alternative identity registered by the UE for originating call.

[image: image1.emf]P/S-CSCF UE-A

1. INVITE B

From: A-AltId-r

P-Preferred-Identity: A-AltId-r

MiD-AS-A

2. INVITE B

From: A-AltId-r

P-Asserted-Identity: A-AltId-r

PLMN-B

3. INVITE B

From: A-AltId-r

P-Asserted-Identity: A-AltId-r

4. INVITE B

From: A-AltId-r

P-Asserted-Identity: A-AltId-r


Figure B.2.1.x-1: UE-A indicates an alternative identity registered by the UE
1.
UE-A sends an INVITE message to P/S-CSCF, for an example see table B.2.1.x-1

The UE-A includes in the initial INVITE request the From header field and the P-Preferred-Identity header field set to the alternative identity registered by the UE and sends the initial INVITE request to the P/S-CSCF according to TS 24.229 [3].

Table B.2.1.x-1: INVITE request (UE-A to P/S-CSCF)
INVITE tel:+11112222 SIP/2.0

To: <tel:+11112222>

From: <tel:+22221111>;tag=4fa3

P-Preferred-Identity: <tel:+22221111>
Other SIP header fields and SDP according to 3GPP TS 24.229 [3]

2.
P/S-CSCF forwards the INVITE message to MiD-AS-A, for an example see table B.2.1.x-2

The P-CSCF populates the P-Asserted-Identity header field with the alternative identity registered by the UE following procedures defined in TS 24.229 [3].


The S-CSCF forwards the request to the MiD-AS-A using initial filter criteria.

Table B.2.1.x-2: INVITE request (P/S-CSCF to MiD-AS-A)
INVITE tel:+11112222 SIP/2.0

To: <tel:+11112222>

From: <tel:+22221111>;tag=4fa3

P-Asserted-Identity: <sip:+22221111@plmnA.net;user=phone>, <tel:+22221111>
Other SIP header fields and SDP according to 3GPP TS 24.229 [3]

3.
MiD-AS-A forwards the INVITE message to the S-CSCF, for an example see table B.2.1.x-3

MiD-AS-A performs originating services as needed and forwards the request to the S-CSCF according to TS 24.229 [3].

Table B.2.1.x-3: INVITE request (MiD-AS-A to P/S-CSCF)
INVITE tel:+11112222 SIP/2.0

To: <tel:+11112222>

From: <tel:+22221111>;tag=4fa3

P-Asserted-Identity: <sip:+22221111@plmnA.net;user=phone>, <tel:+22221111>
Other SIP header fields and SDP according to 3GPP TS 24.229 [3]

4.
S-CSCF forwards the INVITE message towards the PLMN-B

*** End of Changes ***
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