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* * * Next Change * * * *

7.2A.18.1
Introduction

The Reason header field is extended to include the additional protocol values.
Editor's note [CR#6558, WI TEI17]: Subclauses 7.2A.18.11, 7.2A.18.12, 7.2A.18.13, 7.2A.18.14, 7.2A.18.15, 7.2A.18.16, and 7.2A.18.17 form the basis for IANA registration of new protocol values. The registration should be performed once Rel-17 is complete.

7.2A.18.2
Syntax

The syntax of the Reason header field is described in RFC 3326 [34A].

Table 7.2A.18 describes 3GPP-specific extension to the Reason header field.

Table 7.2A.18: Syntax of extension to Reason header field

protocol          /= "EMM" / "ESM" / "S1AP-RNL" / "S1AP-TL" / "S1AP-NAS" / "S1AP-MISC" / 
                   "S1AP-PROT" / "DIAMETER" / "IKEV2" / "RELEASE_CAUSE" / "FAILURE_CAUSE" / 

                   "5GMM" / "5GSM" / "NGAP-RNL" / "NGAP-TL" / "NGAP-NAS" / "NGAP-MISC" / 

                   "NGAP-PROT"
For all the above protocols, the protocol cause is included.

* * * Next Change * * * *

7.2A.18.10A
IANA registration of 5GMM protocol value

The following entry is added to the Reason Protocols table within the Session Initiation Protocol (SIP) Parameters.

Protocol value: 5GMM

Protocol cause: Cause value in decimal representation

Reference: 3GPP TS 24.501 [258] subclause 9.11.3.2

Contact:

3GPP Specifications Manager

3gppContact@etsi.org

+33 (0)492944200

7.2A.18.10B
IANA registration of 5GSM protocol value

The following entry is added to the Reason Protocols table within the Session Initiation Protocol (SIP) Parameters.

Protocol value: 5GSM

Protocol cause: Cause value in decimal representation

Reference: 3GPP TS 24.501 [258] subclause 9.11.4.2
Contact:

3GPP Specifications Manager

3gppContact@etsi.org

+33 (0)492944200

7.2A.18.10C
IANA registration of NGAP radio network layer protocol value

The following entry is added to the Reason Protocols table within the Session Initiation Protocol (SIP) Parameters.

Protocol value: NGAP-RNL

Protocol cause: Radio network layer cause value in decimal representation

Reference: 3GPP TS 38.413 [xx]

Contact:

3GPP Specifications Manager

3gppContact@etsi.org

+33 (0)492944200

7.2A.18.10D
IANA registration of NGAP transport layer protocol value

The following entry is added to the Reason Protocols table within the Session Initiation Protocol (SIP) Parameters.

Protocol value: NGAP-TL

Protocol cause: Radio network layer cause value in decimal representation

Reference: 3GPP TS 38.413 [xx]

Contact:

3GPP Specifications Manager

3gppContact@etsi.org

+33 (0)492944200

7.2A.18.10E
IANA registration of NGAP non-access stratum protocol value

The following entry is added to the Reason Protocols table within the Session Initiation Protocol (SIP) Parameters.

Protocol value: NGAP-NAS

Protocol cause: Non-access stratum cause value in decimal representation

Reference: 3GPP TS 38.413 [xx]

Contact:

3GPP Specifications Manager

3gppContact@etsi.org

+33 (0)492944200

7.2A.18.10F
IANA registration of NGAP miscellaneous protocol value

The following entry is added to the Reason Protocols table within the Session Initiation Protocol (SIP) Parameters.

Protocol value: NGAP-MISC

Protocol cause: Miscellaneous cause value in decimal representation

Reference: 3GPP TS 38.413 [xx]

Contact:

3GPP Specifications Manager

3gppContact@etsi.org

+33 (0)492944200

7.2A.18.10G
IANA registration of NGAP protocol protocol value

The following entry is added to the Reason Protocols table within the Session Initiation Protocol (SIP) Parameters.

Protocol value: NGAP-PROT

Protocol cause: S1 Protocol cause value in decimal representation

Reference: 3GPP TS 38.413 [xx]
Contact:

3GPP Specifications Manager

3gppContact@etsi.org

+33 (0)492944200

* * * End of Changes * * * *

