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5.14.3.22
STUN Consent Freshness (stnconfres)

Table 5.14.3.22.1: STUN Consent Freshness package

	Properties
	Mandatory/Optional
	Used in command
	Supported Values
	Provisioned Value

	None
	-
	-
	-
	-

	Signals
	Mandatory/Optional
	Used in command
	Duration Provisioned Value

	Consent Test (stnconfres/contst, 0x0120/0x0001)
	M
	ADD, MODIFY
	-

	
	Signal Parameters
	Mandatory/

Optional
	Supported

Values
	Duration Provisioned Value

	
	tstint (0x0001)
	O
	Integer
	0.8N and 1.2N

Default N=5000 (NOTE)

	Events
	Mandatory/Optional
	Used in command

	Consent State (stnconfres/constate, 0x0120/0x0001)
	Not supported
	-

	
	Event

Parameters
	Mandatory/Optional
	Supported Values
	Provisioned Value

	
	Request States (reqstate, 0x0001)
	Not supported
	-
	-

	
	ObservedEvent

Parameters
	Mandatory/Optional
	Supported

Values
	Provisioned Value

	
	States (state, 0x0001)
	Not supported
	-
	-

	STUN Consent Request Failure  (stnconfres/confail, 0x0120/0x0002)
	Mandatory/Optional
	Used in command

	
	M
	ADD, MOD, NOTIFY

	
	Event

Parameters
	Mandatory/Optional
	Supported Values
	Provisioned Value

	
	-
	-
	-
	-

	
	ObservedEvent

Parameters
	Mandatory/Optional
	Supported

Values
	Provisioned Value

	
	-
	-
	-
	-

	Statistics
	Mandatory/Optional
	Used in command
	Supported Values

	None
	-
	- 
	-

	Error Codes
	Mandatory/Optional

	None
	-

	NOTE:
The parameter "N" refers to the basic period of the consent check interval defined in IETF RFC 7675 [58].


* * * End of Changes * * * *

