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****************** change 1 ******************

3.1
Definitions

For the purposes of the present document, the terms and definitions given in 3GPP TR 21.905 [1] and the following apply. A term defined in the present document takes precedence over the definition of the same term, if any, in 3GPP 3GPP TR 21.905 [1].
Dynamic STI: An STI dynamically assigned by the SCC AS, representing the SIP dialog identifier (Call-ID header field and the values of tags in To and From header fields) and used for session transfer request when Gm service control is available.

Inter UE Transfer SCC AS URI: A SIP URI which is a public service identity hosted by SCC AS and which is used in inter UE transfer procedures.

Static STI: An STI configured in the SC UE either as a SIP URI or as an E.164 number in tel URI or SIP URI representation of tel URI. The static STI is used for CS-PS transfer when dynamic STI is unavailable.

ATCF URI for originating requests: A URI of ATCF where the ATCF receives requests sent by the served UEs.

ATCF URI for terminating requests: A URI of ATCF where the ATCF receives requests targeted to the served UEs.

For the purposes of the present document, the following terms and definitions given in 3GPP TS 23.237 [9] apply:

Access Leg

Local Operating Environment
Remote Leg
Target Access Leg

Source Access Leg

Session Transfer Identifier (STI)

Session Transfer Number (STN)
Session Transfer Number for SR-VCC (STN-SR)
Collaborative session

Controllee UE

Controller UE

Inter-UE transfer
Emergency Session Transfer Number for SR VCC(E-STN-SR)
Correlation MSISDN

For the purposes of the present document, the following terms and definitions given in 3GPP TS 24.292 [4] apply:

CS call

CS media
For the purposes of the present document, the following terms and definitions given in 3GPP TS 23.003 [12] apply:

IP Multimedia Routeing Number (IMRN)

For the purposes of the present document, the following terms and definitions given in IETF RFC 5012 [16] apply:

Emergency service URN
For the purposes of the present document, the following terms and definitions given in IETF RFC 4353 [55] apply:

Conference

Conference URI

Focus

Participant
For the purposes of the present document, the following terms and definitions given in IETF RFC 3264 [58] apply:

Directionality
****************** change 2 ******************

6.5
Access Transfer Control Function (ATCF)
6.5.1
Distinction of requests

The ATCF needs to distinguish the following initial SIP requests:

-
SIP REGISTER requests with the ATCF URI for originating requests in the topmost Route header field. In the procedures below, such requests are known as "SIP REGISTER requests of served UE".
****************** change 3 ******************

7.5
Access Transfer Control Function (ATCF)
7.5.1
Distinction of requests

The ATCF needs to distinguish the following initial SIP requests:

-
SIP INVITE requests with the ATCF URI for originating requests in the topmost Route header field. In the procedures below, such requests are known as "originating SIP INVITE requests".

****************** change 4 ******************

8.4
Access Transfer Control Function (ATCF)
8.4.1
Distinction of requests

The ATCF needs to distinguish the following initial SIP requests:

-
SIP INVITE requests with the ATCF URI for terminating requests in the topmost Route header field. In the procedures below, such requests are known as "terminating SIP INVITE requests".

****************** change 5 ******************

12.7
Access Transfer Control Function (ATCF)
12.7.1
Distinction of requests

The ATCF needs to distinguish the following initial SIP requests:

-
SIP INVITE requests containing the STN-SR in the Request-URI and:
-
not containing Route header field; or

-
containing URI in the topmost Route header field other than the ATCF URI for originating requests and other than the ATCF URI for terminating requests. 

In the procedures below, such requests are known as "SIP INVITE requests due to STN-SR".

