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3.2
Abbreviations

For the purposes of the present document, the abbreviations as defined in 3GPP TR 21.905 [6] and the following apply:

ACM
Address Complete Message

ANM
ANswer Message

APRI
Address Presentation Restriction Indicator
BGCF
Breakout Gateway Control Function

BICC
Bearer Independent Call Control

CC
Country Code

CLIP
Calling Line Identification Presentation

CLIR
Calling Line Identification Restriction

CN
Core Network

COLP
Connected line presentation

COLR
Connected line restriction
CPC
Calling Party's Category
CPG
Call ProGress message

CS
Circuit Switched

CSCF
Call Session Control Function

DDI
Direct-Dialling-In

GTP
GPRS Tunneling Protocol

H/W
Hardware

IP
Internet Protocol

IM-MGW
IP Multimedia Media Gateway Function

ISDN
Integrated Services Data Network

ISUP
Integrated Services User Part

MCID
Malicious Communication Identification

M3UA
MTP-L3 User Adaptation layer

MGCF
Media Gateway Control Function

MGW
Media Gateway

MONA
Media Orientation Negotiation Accesleration

MSN
Multiple Subscriber Number

MTP
Message Transfer Part

NDC
National Destination Code

NOA
Nature Of Address 

PLMN
GSM Public Land Mobile Network

SCTP
Stream Control Transmission Protocol

SDP
Session Description Protocol

SGW
Signalling Gateway

SIP
Session Initiated Protocol

SN
Subscriber Number

SS7
Signalling System No. 7

TNL
Transport Network Layer

UAC
User Agent Client

UE
User Equipment

URL
Uniform Resource Location

7.5.9

Malicious Communication Identification (MCID)

7.5.9.1
Interworking at the O-MGCF

If the MGCF supports the interoworking of the MCID service the O-MGCF shall map the Identification Request (IDR) and Identificatin response (IDS) to a SIP message in accordance with table 7.5.9.1.1 
Table 7.5.9.1.1 Mapping of the ISUP IDR and IDS to a SIP message
	ISUP Message
	SIP Message

	IDR
	INFO containing a XML mcid body with MCID XML Request schema 

	IDS
	INFO containing a XML mcid body with MCID XML Response schema


7.5.9.1.1
Interworking of the MCID XML Request schema with the ISUP MCID request indicators

If the MGCF supports the interoworking of the MCID service O-MGCF shall map the codes in in the MCID request indicator and holding indicator parameter field to the following XML elements as specified in TS 24.516 [yy] and in accordance with Table 7.5.9.1.1.1.
Table 7.5.9.1.1.1 Mapping of the ISUP MCID request and holding indicator to the XML element.
	
	ISUP Parameter
	XML Element

	bit
A:
	MCID request indicator
	McidRequestIndicato

	
0
	MCID not requested
	type=0

	
1
	MCID requested
	type=1

	
	
	

	bit
B:
	Holding indicator (national use)
	HoldingIndicator

	
0
	holding not requested
	type=0

	
1
	holding requested
	type=1


7.5.9.1.2
Interworking of the ISUP MCID response indicators with the MCID XML Response schema
If the MGCF supports the interoworking of the MCID service the O-MGCF shall map the codes in in the MCID response indicator and hold provided indicator parameter field to the following XML elements in accordance with Table 7.5.9.1.2.1
Table 7.5.9.1.2.1 Mapping of the ISUP MCID response and hold provided indicator to the XML element 
	
	ISUP Parameter
	XML Element

	bit
A:
	MCID response indicator
	McidResponseIndicator

	
0
	MCID not included
	type=0

	
1
	MCID included
	type=1

	
	
	

	bit
B:
	Hold provided indicator (national use)
	HoldingProvidedIndicator

	
0
	holding not provided
	type=0

	
1
	holding provided
	type=1


7.5.9.2
Interworking at the I-MGCF

Not applicable.
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