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1
Decision/action requested

It is proposed to add a section describing the Session-ID.
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Note: Reference numbering taken from TR 32.850 or proposed for TR 32.850
3
Rationale

It is proposed to add a section for identifiers used for application differentiation. This is needed to give the reader a baseline what different identifiers are existing, and where it is documented within 3GPP. 

4
Detailed proposal
---------------------------------------------------------------- First change ---------------------------------------------------------

4.4.3.7
Session-ID
For a SIP session the Session-ID (Session identification) contains the SIP Call-ID as defined in the Session Initiation Protocol RFC 3261 [404]. The Session-ID is used for charging purposes as defined in TS 32.260 [20].
RFC 3261 [404] defines that the SIP Call-ID contains a globally unique identifier for this call. The To tag, From tag   and SIP Call-ID does define the peer-to-peer relationship of a SIP Session. RFC 3261 [404] describes that SIP Call-ID header field acts as a unique identifier to group together a series of messages. 
Important is that a B2BUA will change the SIP Call-ID when initiating a new session at the outgoing leg. Thus it cannot be used to correlate a SIP end-to-end session in each case. Thus a MMTel depended on the functionality may change the SIP Call-ID.  The SIP Call-ID can only be used to correlate SIP Messages between a UAC and UAS when no initiating B2BUA is in between. The same apply for a SIP session between two B2BUAs. 
---------------------------------------------------------------- end of  change ---------------------------------------------------------

