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The design constraint for the algorithmic delay of the codec for EVS still could not be agreed. 
In contribution [1] an algorithmic codec delay of 35 ms was proposed. A codec with a lower algorithmic delay providing the same audio quality should be preferred. This approach would require a measure for the overall quality combing the quality impairments caused by the coding of the signal and the conversational quality impairments caused by the end-to-end delay.
After a comprehensive internal discussion the source finally concluded that it would be quite difficult to provide in short-term a reliable measure for estimating the quality combining the coding impairments with the conversational delay impairment. The e-model could not be directly applied, as the model is not adapted for super-wideband speech and music. Basic research would be required to describe the inter-dependencies of quality degradation caused by coding artefacts and delay in case of super-wideband signals and the new super-wideband codecs and the subjective assessment methods applied. Also different usage scenarios might be considered. 

It is expected that it may not be possible to reach consensus on an appropriate combined performance criteria within the EVS schedule. Therefore a compromise is proposed. Earlier subjective tests [2] have shown that a codec with an algorithmic delay of 32 ms provides good to excellent quality for speech and music at bitrates of 24 kbit/s in comparison to the fullband reference. From this experience it is assumed that a 32 ms algorithmic delay might be sufficient to provide good audio and music performance even at lower bitrates. On the other hand, the delay increase is in comparison to AMR-WB and in comparison to the expected end-to-end delay still quite small and would likely not lead to a significant decrease of the conversational quality. 
Following design constraint on algorithmic codec delay is proposed for approval:

	Algorithmic Delay
	The algorithmic delay of the non-interoperable mode shall be less than 32 ms. 
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