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1.
Opening of the meeting
The SA4 Chairman, Kari Järvinen 
 opened the S4#42 meeting, and welcomed the delegates to Seville, Spain. Mr. Igor  Curcio, on behalf of EF3, illustrated the meeting facilities. The Secretary was Paolo Usai (ETSI MCC).
2.
Approval of the agenda and registration of documents
The Agenda in TD S4-070002 was approved, and was further revised during the week, to include the allocation of new input documents. The S4 Chairman illustrated the Schedule for the meeting contained in TD S4-070003, which was noted.
The "Document handling rules" are available in TD S4-010376. The Chairman reminded the obligation to provide the documents by end of Tuesday (23:59 hours) in the week prior to the one the meeting takes place !
The Documents available at the start of the meeting were allocated to the Agenda Items (see Annex 1). 
Then IPRs obligations for 3GPP members were recalled to all Delegates.

The Chairman made the following call for IPRs, and asked ETSI members to check the latest version of ETSI's IPR policy available on the web server:
	“Delegates' attention is drawn to their obligations under the 3GPP Partner Organizations' IPR policies.  Every Individual Member organization is obliged to declare to the Partner Organization or Organizations of which it is a member any IPR owned by the Individual Member or any other organization which is or is likely to become essential to the work of 3GPP.”
The members take note that they are hereby invited:


to investigate in their company whether their company does own IPRs which are, or are likely to become Essential in respect of the work of the Technical Specification Group.


to notify the Director-General, or the Chairman of their respective Organizational Partners, of all potential IPRs that their company may own, by means of the IPR Statement and the Licensing declaration forms (e.g. see the ETSI IPR forms http://webapp.etsi.org/Ipr/).


3.
Approval of previous meeting report
TD S4-060761 TSG-S4#41 meeting report v. 0.0.1 was approved.
There was one Action Points from S4#41 meeting :
A. P. 1 
TD S4-060597 was POSTPONED at the TSG SA4#41 closing Plenary. Action for 

France Telecom : get clarification from RAN about the Action requested to SA4.
SA1 asked TSG SA WG4 to study the questions from RAN while taking the service requirement into consideration. SA1 proposed the maximum value, for interruption when switching between different channels, as 1 second, and that handover between different radio access technologies should be transparent to the user.
Conclusion : deferred to the discussion of TD S4-060597 (see A.I. 4.3).
4.
Reports/Liaisons from other groups/meetings

4.1
TSG-SA#34 (Budapest, 4-7 December, 2006)
The TSG-SA WG4 Chairman presented TD S4-070001 Report from SA#34 on SA4 matters, from SA4 Chairman and Secretary. The report was noted at the TSG SA WG4 #42 opening Plenary.
The TSG-SA WG4 Chairman presented at SA4#41 TD S4-060573 LS on 3GPP SAE&LTE Workplan, from TSG SA.TSG SA asked all WGs to review the contents of the workplan and provide feedback to relevant Work Item Rapporteurs and the contact person. Should dependencies on other WGs be identified, the relevant WGs should also be informed.
This Liaison Statement was noted at the TSG SA4#41 Plenary and POSTPONED until SA4#42.
At SA4#42, this Liaison Statement was noted at the TSG SA4#42 closing Plenary, and POSTPONED until SA4#43.


4.2
SA4 subgroups

4.2.1
MTSI ad-hoc #3 (11-13 December 2006)
Mr. Kari Järvinen presented TD S4-070004 Report from SA4 MTSI ad-hoc #3, from SA4 MTSI Ad-Hoc Chairman. The report was approved at the TSG SA WG4 #42 opening Plenary.
Mr. Kari Järvinen presented TD S4-070085 TS 26.114 V1.2.0, from Editor (Ericsson).

The document was noted at the TSG SA WG4 #42 opening Plenary.
Mr. Olle Franceschi presented TD S4-070116 MTSI Workplan v1.6, from Ericsson.
The document was noted at the TSG SA WG4 #42 opening Plenary.


4.2.2
Video Ad-hoc teleconference (9th January 2007)
Mr. Dave Singer presented verbally the essential information about the Video Adhoc Telco, January 9th, 2007. There were no comments and the oral report was approved at the TSG SA WG4 #42 opening Plenary.

4.2.3
PSM SWG meeting on PSSe and MBMSUSE (11-12 January 2007)

The TSG-SA4 PSM SWG Chairman, Mr. Frederic Gabin presented TD S4-070018 Draft PSM Ad hoc on PSSe and MBMSUSE (11-12 Jan. 2006 -> 2007) Meeting Report. With the remark that the date should be 2007 instead than 2006, the report was approved at the TSG SA WG4 #42 opening Plenary.

4.3
3GPP working groups
LSs
SAE/LTE:

Minimum number of supported SAE bearers in the UE
569 (RAN2)
The TSG-SA WG4 Chairman presented at the TSG SA4#41 meeting TD S4-060569 LS on minimum number of supported SAE bearers in the UE, from TSG RAN WG2.

During TSG RAN2#54 in Tallinn the QoS architecture for SAE was discussed. Since a one-to-one mapping between SAE Access Bearer and SAE Radio Bearer is assumed, it was agreed that the number of supported SAE bearers has an impact on the supported service differentiation hence on user experience. As a consequence, RAN2 concluded that the support of a minimum number of SAE Bearers should be mandated to achieve a minimum QoS performance common to all LTE UEs.

A larger number of supported SAE Bearers than the minimum can also be indicated as part of the UE capabilities in order to accommodate more advanced QoS differentiation capability.

RAN WG2 asked SA2 and SA4 to provide feed-back on RAN WG2 current conclusions and on the minimum number of SAE Bearers from SAE architecture and service differentiation point of view.

Comments: SA4 could consider the minimum number of bearers / application and also multiple applications occurring at the same time with different QoSs. Gaming, mobile TV, VPN, FTP, etc., in parallel with voice call were mentioned, maybe using different terminals (i.e. not limited to phones only).

An off-line session on Wednesday morning (at 08:00) of SA4#41 meeting was organized and a reply drafted in TD S4-060747.

Mr. Frederic Gabin presented at the TSG SA4#41 closing Plenary TD S4-060747 Reply LS on minimum number of supported SAE bearers in the UE (To: RAN2). Ericsson felt the reply not acceptable to them with this wording, and committed to provide input at next SA4#42 meeting. Nokia also asked more time (to check the mapping of bearers to services). TD S4-060747 was POSTPONED at the TSG SA4#41 closing Plenary until next SA4#42 meeting.

TD S4-060569 was noted at the TSG SA4#41 opening Plenary; TD S4-060569 was POSTPONED at the TSG SA4#41 closing Plenary until next SA4#42 meeting.

Note that RAN#34 decided to close the WI on Gaming.
Comments / Questions at SA4#42 meeting: TD S4-060747 was left for further consideration during the week.
Conclusion : A new reply was provided in TD S4-070119 (c/o F. Gabin). See A. I. 10.
 - Service Requirement for MBMS LTE
597 (SA1), 12 (TSG-RAN) 
Service Requirement for MBMS LTE
597 (SA1)
The TSG-SA WG4 Chairman presented at the TSG SA4#41 opening Plenary TD S4-060597 LS on Service Requirement for MBMS LTE, from TSG SA WG1.

SA1 stated that the service requirement for mobile TV is that handovers should be transparent to the user if the stream is delivered using the MBMS service.

The service requirement for channel switching is that this should cause minimal disruption to the end user experience. SA1 proposed the maximum value, for interruption when switching between different channels, as 1 second.

SA1 is responsible for service requirements and asked SA4 to review the detailed questions from RAN and derive the radio bearer requirements.

The PSM SWG was tasked to consider this LS and draft a reply.

This Liaison Statement was noted at the TSG SA4#41 opening Plenary; TD S4-060597 was then POSTPONED at the TSG SA4#41 closing Plenary until SA4#42 meeting. Action for France Telecom (A. P. 1) : get clarification from RAN about the Action requested to SA4.
Comments / Questions : the provision of TD S4-070012 superseded TD S4-060597.
Conclusion : this document was noted at the TSG SA WG4 #42 opening Plenary. A. P. 1 was closed.
The TSG-SA WG4 Chairman presented at the TSG SA4#42 opening Plenary TD S4-070012 Reply LS to SA1, SA4 on Service Requirement for MBMS LTE, from TSG RAN.

TSG-RAN would like to thank TSG-SA1 for their LS on the Service Requirement for MBMS LTE. RAN discussed the response LS and attached SA1 CR in document S1-061433. During that discussion following questions and comments were raised on the MBMS service requirements and the CR:

1) Is this CR applicable for LTE or are modified service requirements applicable generally for any 3GPP MBMS solution (GERAN, UTRAN, and LTE)?
RAN would like to note that support for Mobile TV was already introduced in Rel6 UTRAN MBMS. 

2) The requirement for 1 second switching time between different TV channels was seen unclear. Is the switching time requirement for radio part for the UE to stop reception of the old channel and to start receiving data from new channel or is the requirement from the moment when subscriber desires to change channel to the moment when UE is able to start displaying the new channel? 
If the correct understanding is latter one, which portion of this 1 second switching time is expected to be available for radio procedures and which portion is used by higher layers such as application level coding? 

3) The requirement on handover between different radio access technologies should be transparent was seen unclear as:

a. Different radio access technologies have different capabilities to provide different MBMS data rates, which leads either to different MBMS service data rates per MBMS service or different number of MBMS services supported by access technologies. Limiting the MBMS capabilities in other access technologies to the lowest level that can be supported by all access technology is not seen as viable solution. 

b. MBMS point to multipoint transmission mode e.g. in UTRAN is not supporting the handover in similar manner as understood in unicast, as when UE is accessing to the new cell in UTRAN the UE acquires the MBMS transmission mode and configuration from the MBMS control channel in the new cell. There are techniques such as soft combining in Rel6 UTRAN and SFN operation considered for LTE which can avoid the interruptions in cell changes but those techniques are only available inside one access technology.

c. Due to above reasons the mobility between GERAN and UTRAN access technologies is not transparent for MBMS reception in Rel6 MBMS.

TSG-RAN asked SA4 feedback on delay introduced by the application level forward error coding to the channel switching time in context of Release 8.
Comments / Questions : the LS was proposed to be discussed during the PSM SWG meeting.
Conclusion : the PSM SWG was tasked to draft a reply (TD S4-070131 -> TD S4-070155-> TD S4-070224, see A. I. 10).
- LS on Optimised voice scheduling in LTE
108 (RAN2)
The TSG-SA WG4 Chairman presented TD S4-070108 LS on Optimised voice scheduling in LTE, from TSG RAN WG2.
RAN2 is currently discussing UL and DL scheduling solutions for LTE. As a baseline for downlink (DL) scheduling, a dynamic scheduling approach has been agreed in which the UE is informed about every DL transmission via a control channel indication.

Recognising that voice will be an important service in LTE, a large effort is made to ensure that an efficient solution for supporting voice scheduling will be available. Currently RAN2 is examining different proposals to see if a more optimized scheduling approach than the baseline for supporting voice services is possible. Related to this effort, RAN2 has made a number of assumptions and has a number of questions on which it would appreciate input from SA2 and SA4.

Comments / Questions : scheduling entities were felt unclear (UE, E-Node B)
Conclusion : the MTSI ad-hoc was tasked to deal with this LS in detail (on Wednesday afternoon, reply to TSG RAN WG2 in TD S4-070171, see A. I. 10).
TD S4-070065 Wideband Speech Codec for SAE/LTE, from T-Mobile International was related to TD S4-070108. See MTSI ad-hoc.
Rate-Adaptive Realtime Media

752 (RAN2)

The TSG-SA WG4 Chairman presented at the TSG SA4#41 closing Plenary TD S4-060752 LS on Rate-Adaptive Realtime Media, from TSG RAN WG2.

RAN2 is discussing the possibility of introducing a function that drops or delays packets (e.g., at certain congestion levels, or in “cell edge” scenarios) as one alternative to shape the uplink traffic. The two options are to either locate that function in the UE or to locate that function in the network side (e.g. eNB or UPE).

To allow RAN2 to make a decision, RAN2 would like to understand current and future rate adaptation schemes for real-time media sources such as streaming video. In particular, RAN2 would like to get a better understanding on the following questions:

Q1:
How many packets would need to be dropped/delayed to trigger a “down switch” in common rate adaptation schemes for real-time media (e.g., from a higher codec rate to a lower codec rate)? 

Q2:
How many packets would need to be dropped/delayed in normal operation to prevent an “up switch” in common rate adaptation schemes for real-time? 

Q3:
What would be the implication on the perceived service quality of packet dropping/delaying required to trigger a “down switch”?

Q4:
Would the packet dropping/delaying method and the configuration of the method (i.e. the algorithm and the quantity) be same for all applications, codecs and codec rates (i.e. service agnostic), or would it have to be service, codec or codec rate specific?

Q5: 
Is the answer to questions above same for non-real time traffic?

Q6:
Is the answer to questions above expected to change in the future?

SA4 was requested to  provide guidance on the questions listed above.
Comments / Questions : despite the urgency, more time was felt needed by SA4 to provide a complete answer to RAN2. SA4 Delegates were invited to debate the subject over the reflector.

Conclusion : TD S4-060752 was POSTPONED until SA4#42 meeting.

Comments / Questions : it looks like a decision was already taken in RAN2 on this (F. Gabin to check). 
Conclusion : the MTSI ad-hoc was tasked to deal with this LS in detail (on Wednesday afternoon). 
Mr. Daniel Enström kindly agreed to draft a reply in TD S4-060172 -> TD S4-060225. See A.I. 10.
 - UL/DL Rate Policing in the eNB
13 (SA2)
The TSG-SA WG4 Chairman presented at the TSG SA4#42 opening Plenary TD S4-070013 Reply LS on “UL/DL Rate Policing in the eNB”, from TSG SA WG2.

SA2 has discussed the subject and agreed on the following design principles:

· It is preferable to have network-based control when feasible (e.g., in terms of complexity, signaling overhead).

· Radio resource consumption should be minimized.

· The level of trust placed into the UE should be minimized.

· UE conformance testing of the functions mentioned below should be possible.
SA2 would like to provide the following guidance to the questions posed by RAN2:

Q1:
Which layer(s) of which node(s) are responsible for ensuring the UL-MBR per bearer? (e.g. AS of UE, eNode B, etc.) 

In this context, SA2 would like to point out the agreement reached in S2-064300 with respect to the QoS parameters MBR and AMBR. SA2 assumes that RAN2 ensures that functions are available to enforce the UL-MBR / UL-AMBR. SA2 acknowledges that it is RAN2’s responsibility to agree on whether such functions are UE-based, eNB-based, or a hybrid of both.
Q2:
Which layer(s) of which node(s) are responsible for ensuring the UL-GBR per bearer for bearers with UL-MBR greater than UL-GBR at certain congestion levels, or in “cell edge” scenarios? (e.g. AS of UE, eNode B, etc.) 

SA2 assumes that RAN2 ensures that functions are available to enforce that – given acceptable radio conditions – a GBR SAE Bearer will at least be scheduled at a rate of the UL-GBR associated with that GBR SAE Bearer. SA2 acknowledges that it is RAN2’s responsibility to agree on whether such functions are UE-based, eNB-based, or a hybrid of both.
In the design of those functions SA2 would like RAN2 to ensure that sources such as TCP-based applications/services and AMR codecs are supported efficiently. Once RAN2 has agreed on solutions for the mentioned functions, SA2 would appreciate to get an LS from RAN2 that summarizes the solutions, and that points out in which way the above mentioned design principles have been met.
Comments / Questions : none.
Conclusion : the LS was noted at the TSG SA WG4 #42 opening Plenary.
MBMS:

 - Multiple parallel MBMS Sessions
11 (RAN3)

 - Protected MBMS services over MBMS broadcast 
14 (SA3)
The TSG-SA WG4 Chairman presented at the TSG SA4#42 opening Plenary TD S4-070011 LS on Multiple parallel MBMS Sessions, from TSG RAN WG3.

RAN WG3 would like to inform TSG SA1 that RAN3 have discussed the scenario whereby the RNC receives a Session Start message with a TMGI included for which there is already an ongoing session up and running.

RAN3 found in TS22.246 release 6 that there cannot be several sessions running in parallel for a same service. Therefore RAN3 has decided to treat this scenario as a failure case for release 6. However RAN3 is questioning whether this should not be improved for release 7 because of the following use case:

If an MBMS service like “road information traffic” is to be distributed nation-wide with a different content sent simultaneously per region, this would imply the use of several parallel sessions for the same service. It is the understanding of RAN3 that this use case cannot be fulfilled as long as the restriction in TS22.246 exists which seems not nice. 

Therefore RAN3 would like to ask TSG SA1:

· if SA1 intend to remove the current restriction in TS22.246 for release 7,

· if SA1 foresee another way of fulfilling the above-described use case.
Comments / Questions : none.
Conclusion : the LS was noted at the TSG SA WG4 #42 opening Plenary.
The TSG-SA WG4 Chairman presented at the TSG SA4#42 opening Plenary TD S4-070014 LS on "protected MBMS services over MBMS broadcast", from TSG SA WG3.
In order to ensure that the UE is contactable by the BM-SC for the purposes of key management, SA3 have clarified in TS 33.246 the use of the MBMS User Service Registration and Deregistration procedures for protected MBMS User Services in broadcast mode. This agreed mechanism relies on keeping a long lived PDP context. SA3 hopes that existing signalling procedures between the BM-SC and the GGSN can be used to check whether a particular user is still contactable and which IP address can be used for pushing key management messages. TS 26.346 may be impacted as it needs to be ensured that MBMS User Service Registration and Deregistration procedures can be used for MBMS broadcast mode.

SA3 would like to ask SA4 to check whether TS 26.346 is impacted i.e. to ensure that MBMS User Service Registration and Deregistration procedures can be used for MBMS broadcast mode.
Conclusion : the PSM SWG was tasked to draft a reply (TD S4-070132, see A.I. 10).
Support of G.7111 in MRFP
695 (CT4)
The TSG-SA WG4 Chairman presented at the TSG SA4#41 meeting TD S4-060695 LS on Support of G711 in MRFP, from TSG CT WG4. During the specification work for the requirements and procedures for the Mp interface (MRFC-MRFP) CT4 aims to specify which codecs should be supported by an MRFP. A contribution was submitted proposing to mandate ITU-T G.711 in addition to the default 3GPP AMR narrowband codec for audio support in the MRFP; however the support for G.711 is not indicated in TS 26.235 for example so although it is considered a general default codec in other applications it is unclear if this codec should be mandated in the MRFP.
CT4 asked CT1 and SA4 to clarify if ITU-T G.711 PCM codec is required in MRFP.
SA4 delegates were asked to collect useful information to understand the issue.
Answer to this Liaison Statement was POSTPONED until SA4#42 meeting.
Comments / Questions : CT4 will be informed that SA4 would like to be involved for the support of ALL codecs that are implied for audio support in the MRFP (e.g. AMR narrowband and wideband codecs, etc.).
Conclusion : Mr. Olle Franceschi was tasked to draft a reply in TD S4-070120 -> TD S4-070236 -> TD S4-070234, see A.I. 10).
Local Service Change
15 (RAN2), 44 (SA2)

The TSG-SA WG4 Chairman presented at the TSG SA4#42 opening Plenary TD S4-070015 LS on Local Service Change, from TSG RAN WG2.
In RAN2#53 meeting, RAN2 has discussed a mechanism, called local service change (LSC), in order to optimise the signalling exchange during the service change between Video-Telephony (VT) and Speech (R2-061120). With LSC, service change is not handled at NAS level but at AS level. 

Then, other working groups (put in copy of present liaison statement) were liaised so that they identify foreseen issues raised by the introduction of local service change in UMTS. These working groups have all replied to RAN2.

This liaison statement is for information for all working groups and RAN2 would like to take the opportunity to thank all working groups for their feedback on local service change.
RAN2 kindly asks groups to:

1. Consider RAN2 analysis of the LSC impacts on RAN2 specifications. RAN2 can bring more information on LSC on request from other groups;

2. Note that RAN2 is not able to make any recommendation on local service change since the major impacts seem to come from the media gateway and the charging.
Comments / Questions : this LS was considered together with TD S4-070044.
Conclusion : the LS was noted at the TSG SA WG4 #42 opening Plenary.
The TSG-SA WG4 Chairman presented at the TSG SA4#42 opening Plenary TD S4-070044 Reply LS on Local Service Change, from TSG SA WG2.

SA2 would like to thank all the groups for their feedback on the Local Service Change mechanism.
Based on those feedback, SA2 would like to inform the different groups that it has decided to not start the work on Local Service Change in 3GPP at this stage.

Comments / Questions :

Conclusion : the LS was noted at the TSG SA WG4 #42 opening Plenary.

4.4
Other groups
ISO/IEC 14496-20: Information technology 
7 (MPEG)
The TSG-SA WG4 Chairman presented at the TSG SA4#42 opening Plenary TD S4-070007 Liaison Statement on ISO/IEC 14496-20: Information technology -- Coding of audio-visual objects -- Part 20: Lightweight Application Scene Representation (LASeR) and Simple Aggregation Format (SAF), from ISO/IEC JTC1/SC29/WG11.

WG 11 would like to make SA4 aware that the following technologies have been added to LASeR: 

· a refined definition of the video full screen feature which is both powerful and mobile-friendly, 

· a security mechanism for references to streams of scene updates which is fully backward compatible with SVGT1.2.
WG 11 has achieved the alignment of LASeR on SVGT1.2 as part of its Corrigendum 1 being promoted in Hangzhou meeting and its Amendment 1 which is now technically frozen. Amendment 1 will be promoted to final stage as soon as SVGT1.2 is fully stable and features a small range of key extensions such as screen orientation management and support for fast switching techniques, in addition to the above mentioned technologies. 

WG 11 would welcome feed-back from SA4 on this standard.
Conclusion : the PSM SWG was tasked to deal with the content of this LS (noted).
DIMS and LASeR
106 (MPEG)
Dr. Per Fröjdh presented at the TSG SA4#42 opening Plenary TD S4-070106 Liaison Statement on DIMS and LASeR, from ISO/IEC JTC1/SC29/WG11.

WG 11 has made the following decisions at its meeting in Marrakech:

· definition of Internet media types for LASeR binary streams, LASeRML descriptions, LASeR content in SAF streams and SAF streams without LASeR

· clarification of the use of the conditional element in XML descriptions,

· adoption of a new element called updateSource: following discussions on the appropriateness of using the a element with streams of updates, we have decided to adopt a new element extended from the dims:update proposal. 

· adoption of the fullscreen attribute on the svg element: in order to harmonize with DIMS, LASeR has adopted the fullscreen attribute on the svg element as defined in DIMS.

· consideration for the DIMS RTP payload format as an addition to RFC 3640 in relevant situations.

· consideration of a “DIMS” profile for LASeR, containing the set of features adopted by DIMS. 

WG 11 would welcome 3GPP SA4 to:

· give feedback on the updateSource element specification 

· give feedback on a DIMS profile of LASeR

· consider the LASeRML media type as relevant for DIMS

Conclusion : the PSM SWG was tasked to deal with the content of this LS (reply in TD S4-070137, see A.I. 10).
Java Community Process (JCP)
20, 113 (JSR 287 Expert Group)
Mr. Suresh Chitturi presented at the TSG SA4#42 opening Plenary TD S4-070020 Liaison Statement on JSR 287, from Java Community Process (JCP) - JSR 287 Expert Group.

The JSR-287 Experts Group would like to inform you that the JSR 287 (Scalable 2D Vector Graphics API 2.0 for Java ME) is now publicly available for its Early Draft Review and would welcome your comments.
Conclusion : the PSM SWG was tasked to deal with the content of this LS (noted).
Mr. Suresh Chitturi presented at the TSG SA4#42 opening Plenary TD S4-070113 Liaison Statement on JSR 287, responding to TD S4-060748, from Java Community Process (JCP) - JSR 287 Expert Group.

The JSR-287 Experts Group agree that technical alignment between JSR 287 and DIMS, and especially on the update mechanism, is required to avoid market fragmentation. However, it is not clear yet how to achieve that. The JSR-287 Experts Group are currently working on a technical solution and will keep SA4 informed of their progress. 

The JSR-287 Experts Group are currently considering the following solutions: 

1. Rename the SVGImage.processREXMessage() method into SVGImage.processUpdateMessage() and specify a conditional conformance mechanism (i.e. the implementation shall support the update mechanism supported by the platform) 

2. Select one of REX or LASeRUpdates solutions as mandatory for the update mechanism

3. No API support for update functionality, but instead the application is responsible for processing the updates with the help of uDOM API

Conclusion : the PSM SWG was tasked to deal with the content of this LS  (reply in TD S4-070204, see A.I. 10).
Fast RTP Tune-In of Live Streams 
49 (ISMA) 
Mr. Dave Singer presented at the TSG SA4#42 opening Plenary TD S4-070049 LS on Fast RTP Tune-In of Live Streams (December 2006 draft specification) (for information), from ISMA.

At the 23rd ISMA Forum, held in Cupertino on December 7-8, ISMA updated the draft specification; those updates are reflected in document TN01194 “Fast RTP Tune-In of Live Streams (December draft).” This specification is currently in internal review status. This liaison is being sent to you to keep you informed on progress of this specification, as requested. 
Conclusion : the PSM SWG was tasked to deal with the content of this LS (reply in TD S4-070133 (related CR in 151, see A.I. 10).
DIMS and RME harmonisation
59 (OMA BAC MAE)
Mr. Edward Hall presented at the TSG SA4#42 opening Plenary TD S4-070059 LS on DIMS and RME harmonisation, from OMA BAC MAE.

BAC MAE accept the working assumption as laid out in the liaison S4-060760 sent from SA4 #41. However, BAC MAE has several questions and comments for clarification and action. BAC MAE request SA4 to review the bullet points in the LS and respond where appropriate.
Conclusion : the PSM SWG was tasked to deal with the content of this LS (reply in TD S4-070139 (TD S4-070205 attached, see A.I. 10).
ITU-T media coding summary database 
8 (3GPP2 TSG-C)
The TSG-SA WG4 Chairman presented at the TSG SA4#42 opening Plenary TD S4-070008 LS Response to “COM 16 – LS 172 – E” ITU-T media coding summary database and EVRC-WB characterization results, from 3GPP2 TSG-C.

In reply to ITU-T SG 16 liaison in COM 16 – LS 172 – E, 3GPP2 TSG-C  would like to provide a further update on 3GPP2 vocoders for media coding summary database.

TSG-C thanked SG16 WP3/16 Q.23 and Q.10 experts for the communication and will continue to keep SG16 up to date with regard to the attached database and appraised on the progress of the EVRC-WB speech codec which will be defined in the 3GPP2 C.S0014-C Specification.

Conclusion : the LS was noted at the TSG SA WG4 #42 opening Plenary.
Draft 3GPP TR 26.944 
 9 (ETSI STQ Mobile), 10 (ETSI STQ), 110 (ITU-T SG 12)
The three Liaison Statements above were left to be dealt with under A.I. 5.2 (no response).
Invitation to participate in GSC TASK FORCE 
109 (ITU-T SG 12)
The TSG-SA WG4 Chairman presented at the TSG SA4#42 opening Plenary TD S4-070109 LS on Invitation to participate in GSC TASK FORCE in support of Intelligent Transportation Systems (ITS), from ITU-T SG 12.
The Task Force will help to advance vehicle safety and to enhance emerging internal and cross-market opportunities and service possibilities that span the ICT and transportation/ITS sectors.

Conclusion : the LS was noted at the TSG SA WG4 #42 opening Plenary.
Connexion of external hands-free (in cars) and mobile phone  
112 (ITU-T Focus Group On 







         From/In/To Car Communication)
The TSG-SA WG4 Chairman presented at the TSG SA4#42 opening Plenary TD S4-070112 LS on Request for guidance and information related to connexion of external hands-free (in cars) and mobile phone, from Chairman of ITU-T Focus Group On From/In/To Car Communication.
During the discussion in the first meeting of the ITU-T focus group “From/In/To Car Communication - FITCAR” some points were discussed where clarification and help is requested from 3GPP SA4. It is envisaged that the operating configuration in cars will involve typically an external hands-free system connected to the mobile phone. In such configurations - 

1. for the purpose of  end to end quality we believe it would be beneficial to switch off all hands-free related voice signal processing in the phone when the hands-free profile is activated. 

2. in order to minimize the overall transmission delay it would be desirable if information about the type of speech coder used in the actual call was made available to the hands-free system in order to synchronize the hands-free signal processing to the input signal buffering as part of the speech codec. 

FG FITCAR would seek guidance as to whether the above is currently achievable, and if not whether 3GPP would be prepared to include these items in its work plan.

Comments / Questions : some time was requested to consider this LS.
Conclusion : POSTPONED until A.I. 10 (noted).
Video and Audio Coding in DVB services delivered directly over IP protocols 
111 (DVB TM-AVC)
The TSG-SA WG4 Chairman presented at the TSG SA4#42 opening Plenary TD S4-070111 LS on revision of the Specification for the use of Video and Audio Coding in DVB services delivered directly over IP protocols, from DVB TM-AVC.
DVB TM-AVC would like to inform 3GPP that a revision of the Specification for the use of Video and Audio Coding in DVB services delivered directly over IP protocols was approved by the DVB Technical Module meeting in January 2007.  If approved by the DVB Steering Board in February, it will be published as a DVB Blue Book and submitted to ETSI for publication as TS 102 005 v1.3.1.
The Specification includes the following options for delivering audio and video content in RTP packets over IP networks:

Audio: 

· HE AAC v2 packetised using RFC 3640 

· AMR‑WB+ packetised using RFC 4352 

· AC-3 packetised using RFC 4184 

· Enhanced AC-3 packetised using RFC 4598

Video: 

· H.264/AVC packetised using RFC 3984 

· VC-1 packetised using RFC 4425 

In addition, the Specification includes the same audio and video coding options for file storage of download services, using the MP4 or 3GP file formats.  In the case of VC-1, the storage is in accordance with SMPTE RP2025.
DVB TM-AVC understand that not all of the audio and video formats listed above are registered for use with the current 3GP branding.  DVB TM-AVC request guidance on how best to proceed in ensuring that a 3GP brand is defined that does cover all of the audio and video formats supported by TS 102 005 v1.3.1.  Specifically, DVB TM-AVC would like to understand if it would be better for such a brand to be defined by 3GPP or by DVB.
Conclusion : the LS was left to be dealt with during the PSM SWG (reply in TD S4-070158, see A.I. 10).
5.
Issues for immediate consideration
5.1 
Co-ordination of VoIMS work (of WIs in Agenda Items 13.4, 13.5 and 13.6)

SA4 is currently performing work on VoIP Jitter Buffer Management (JBM) as part of 3 work items:
· Performance Characterization of VoIMS over HSDPA\EUL Channels" (VoIMS-PCVoIMS)

· Characterisation of Adaptive Jitter Management Performance for VoIP" (OMTIMS-CAJMP)

· IMS Multimedia Telephony; Media Handling and Interaction" (MTSI-MHI)
The SA4 Chairman summarized the situation as far as concerns the co-ordination of work and reminded that at SA4#41 it was agreed that if an example JBM algorithm would be specified, it shall fulfil the performance requirements.

Mr. David Huo presented at the TSG SA4#42 opening Plenary TD S4-070048 On the WID “Characterization of Adaptive Jitter Buffer Management Performance for VoIP Services", from Alcatel-Lucent, Siemens Networks.

The work item “Characterization of Jitter Management Algorithm for VoIP” (CJMA) was scheduled for Rel-7 with the aim to create a TR “Quantification of Jitter Management Algorithm”. A simple fixed JBM as baseline and an adaptive scheme are targeted to be characterized. The related tests are designated as listening only tests as well as conversational tests. Test conditions are defined and the fixed buffer implementation is specified. Meanwhile synergy between this project and the MTSI ad-hoc has been identified and there has been discussion regarding the relations between the two projects.  While the closing date for Rel-7 approaching, SA4 need to find a conclusion on the status of this project and the relation to the MTSI.

Companies have been asked to make further contributions regarding the dynamic buffer implementation and to sponsor funds for the necessary tests in view of the actual characterization.  There is no response in this respect until now.
Alcatel-Lucent, Siemens Networks propose to inform TSG-SA on the status of the project and ask for advice.  Based on the knowledge gained during this project so far, SA4 should be ready to accept the decision of closing the work item.  The acquired knowledge and changed situation require adapted actions: closing the project will demonstrate SA4’s credibility of being realistic and flexible.
Discussion : Qualcomm (one of the supporting Companies of this WI) felt the proposal a reasonable way forward. The fourth Company supporting this WI (Cingular Wireless) was not represented at this meeting. It was clarified that, if the work done so far is usable in other Work Items, that beneficial aspect could be exploited in SA4 (with no need to modify other WIDs).
Conclusion : the proposal was approved, and SA4 will propose SA#35 Plenary to "stop" the Work Item “Characterization of Adaptive Jitter Buffer Management Performance for VoIP Services" (with no negative impact to other WIDs). Mr. David Huo et al will provide text to this purpose to be included by the SA4 Chairman in the Status report to SA#35 (see TD S4-070121 -> TD S4-070202).
5.2 
End-to-End Multimedia Services performance Metrics

Draft 3GPP TR 26.944 
 9 (ETSI STQ Mobile), 10 (ETSI STQ), 110 (ITU-T SG 12)
The TSG-SA WG4 Chairman presented at the TSG SA4#42 opening Plenary TD S4-070009 Liaison Statement regarding draft 3GPP TR 26.944 on End-2-End Multimedia Services Performance Metrics (Release 7), from ETSI STQ Mobile.

ETSI STQ Mobile thanked SA4 for the draft 3GPP TR 26.944 on End-2-End Multimedia Services Performance Metrics (Release 7) and generally agreed on what has been stated in Annex C. But ETSI STQ Mobile would like to make some comments on Clause 3.2 (Research Method), Clause 3.1.3 (End-to-End Service Quality of Service), last paragraph, Clause 3.1.4 (System Quality of Service), last paragraph and Clause 3.1.2 (Quality of Experience), last paragraph.
This LS was discussed under A. I. 5.2, together with TD S4-070010 and TD S4-070110.

The TSG-SA WG4 Chairman presented at the TSG SA4#42 opening Plenary TD S4-070010 Liaison Statement on Initial Observation on Draft 3GPP TR 26.944 End-2-End Multimedia Services Performance Metrics (Release 7), from ETSI TC STQ.
STQ is increasingly becoming concerned by the proliferation of the term Quality of Experience (QoE) in the communications standards industry. STQ believes that the concepts intended to be captured by the term “QoE” are adequately captured by the E.800 definition of “QoS”. In this regard, it is hoped that SA4 will adhere to the established distinction between Quality of Service and Network Performance, and use qualifying terms such as QoS Experienced or QoS Measured to give the appropriate nuance to the individual aspects of QoS.

STQ looks forward to providing further comments on TR 26.944, which will be reviewed in more detail at STQ’s meeting in April 2007. STQ would appreciate 3GPP SA4 keeping it informed of the latest status of the TR.
STQ would like to take also the opportunity to alert SA4 to its work on Audiovisual QoS for communication over IP networks (ETSI DES/STQ-097), which may be of interest to SA4 and its participating organisations. This work as at too early a stage to liaise for comment, but STQ looks forward to co-operating with 3GPP SA4 on its development in the future.
This LS was left to be discussed under A. I. 5.2, together with TD S4-070009 and TD S4-070110.

The TSG-SA WG4 Chairman presented at the TSG SA4#42 opening Plenary TD S4-070110 LS on Comments on TR 26.944 “End-2-End Multimedia Services Performance Metrics”, from ITU-T SG 12.
Since some terms in TR 26.944 are related to various quality aspects, which are QoS, QoE, SQoS and so on, ITU-T SG 12 would like to inform of the ITU definition of quality of experience (QoE) which SG12 has recently approved as an appendix to ITU-T Recommendation P.10/G.100 “Vocabulary for performance and quality of service”:
Quality of Experience (QoE)
The overall acceptability of an application or service, as perceived subjectively by the end-user. 

NOTES

1 Quality of Experience includes the complete end-to-end system effects (client, terminal, network, services infrastructure, etc).

2 Overall acceptability may be influenced by user expectations and context.

ITU-T SG 12 hope this will help 3GPP and ETSI TISPAN in harmonizing the term with ITU.
Finally, ITU-T SG 12 would like to be kept informed by you on the progress of QoE/QoS-related work.
Discussion on TD S4-070009, TD S4-070010, and TD S4-070110 : Mr. Yan Zhang pointed out that the comments from ETSI TC STQ could be integrated into the TR, as well as the LS from ITU-T SG 12 and wondered whether more time was needed to complete the WI. 
Conclusion : the comments from ETSI TC STQ in TD S4-070009 could be integrated into the TR at this meeting. The QoE related comments in TD S4-070010 and definition of QoE in TD S4-070110 were felt acceptable in principle; this topic was left to be discussed in an off-line session held on Wednesday morning (starting at 8:00 hours). Noted.
Mr. Yan Zhang 张炎（研发）presented at the TSG SA4#42 opening Plenary TD S4-070050 Draft TR 26.944 v1.0.1 of End-2-End Multimedia Services Performance Metrics, from China Mobile.
Conclusion : the proposed changes to v 1.0.1 were felt acceptable.
Mr. Yan Zhang 张炎（研发）presented at the TSG SA4#42 opening Plenary TD S4-070051 QoE Comparison between 3GPP TS 26.944 and 3GPP TS 26.234 / 3GPP TS 26.346, from China Mobile.
The SA4 TR 26.944 is conducting a research on the performance metrics for popular multimedia services, including streaming, multimedia broadcast multicast service (MBMS), video telephony and IP multimedia subsystem service (IMS), etc. This document is an extension to the TR, which will support and justify the results in the TR. 

In this document, the comparison of QoE between TR 26.944 and TS 26.234 / TS 26.346 is conducted to justify the work of TR 26.944. 
Discussion : the document was put under consideration of the off-line session held on Wednesday morning (starting at 8:00 hours), to check in particular the relation of old work done on QoE.
5.3 
Transferring of Emergency Call data - in-band modem solution
Mr. Rhys Robinson presented TD S4-070031 Summary of eCall requirements and recommendations/guidelines, from Airbiquity.

Background:  At SA#34, 4-7 December 2007, SP-060935 “New work (study) item on Transferring of emergency call data – in-band modem solution” was approved.  The objective of this work item is to “examine and describe the in band modem solution” for eCall.  “In the interest of not duplicating work, the set of in-band solutions to be considered are those preferred by GSME unless significant improvements are available. 
A summary of the eCall requirements and recommendations/guidelines that have been produced by ETSI MSG and 3GPP SA WG1 is given in the document.  Additionally, important contributions to the eCall discussions can be found in eCall documents from the DG eCall and the GSME.

First, the approved work (study) item, SP-060935 Transferring of emergency call data – in-band modem solution mentions that the EU Commission eSafety initiative requested that ETSI MSG “standardize the transmission of a Minimum Set of Data (MSD) sent  from a suitably equipped vehicle to a Public Safety Answering Point (PSAP).  The intention (of eCall) is to supplement E112 and 112 (TS12) emergency voice calls with emergency related data from a vehicle”.  The publicly available GSME paper “Options for eCall MSD signalling”  identified that the GSME preferred option be based on an in-band modem solution.”  
Discussion : Nokia asked to clarify what are the SA1 requirements. Motorola asked how Dual-mode terminals would work (considering also non UMTS versions of 3G); the comment was felt regarding more the Draft TR.
Conclusion : this document was noted at the TSG SA WG4 #42 opening Plenary. It was revised in TD S4-070130 (see also A. I. 13.2).
Mr. Rhys Robinson presented TD S4-070032 Draft TR 26.9xx on Transferring of emergency call data -- in-band modem solution (v. 0.0.0), from Airbiquity.

Comments / Questions : none (on the structure). Nokia felt existing solutions should be further checked whether they met the requirements set by SA1. Some off-line discussion and disagreed with the present formulation of all point in sub-clause 5.1.2.
Conclusion : an off-line session was planned on Thursday morning (at 08:00 hours). See TD S4-070178 under A.I. 13.2 .
Sub-Working-Group / Ad-hoc Sessions:

6.
Packet Switched Multimedia (PSM) SWG
Documents allocated to this A.I. at the beginning of the meeting: 
Agenda
19

PSSe and MBMSUSE
16, 17, 47, 69, 72, 75, 76, 77, 78, 79, 98, 101 

DIMS
28, 33, 34, 35, 36, 37, 38, 57, 58, 60, 61, 62, 91, 92, 99, 100, 

CRs
658&659->87&88, 89&90,

See TD S4-070143 Draft Report of PSM SWG Meeting during SA4#42 under A.I. 11.4.
7.
Speech Quality (SQ) SWG
Output documents from SQ SWG at the SA4#41 Plenary :

TD S4-060717 Draft Test Plan for the AMR NB/WB  Conversation Test in UMTS over HSDPA/EUL
Participants (tbc): Benjelloun Touimi (Orange), T. Frankkila (Ericsson), D. Enström (Ericsson), D. Huo (Alcatel-Lucent), K. Järvinen (Nokia), A. Lakaniemi (Nokia), C. Lamblin (France Telecom), T. Lechner (Rohde & Schwarz), P. Ojala (Nokia), C. Quinquis (Orange), A. Sharpley (Apple), N. Srinivasamurthy (Qualcomm), P. Usai (ETSI, Chairman SQ), J. Wu (Motorola).
Background on Performance Characterization of VoIMS over HSDPA\EUL channels (SA4)
S4-060513 Update of the Working Document for the Performance Characterization of VoIMS over HSDPA/EDCH, v0.0.4 (for information).
Funding aspects (related to the Performance Characterization of VoIMS over HSDPA/EUL by means of conversational subjective tests) were closed; the subjective conversational tests are going to be conducted to validate the test plan to be included in TR 26.935.

Update on testing  (related to the Performance Characterization of VoIP over HSDPA/EUL by means of 9 conversational subjective tests) : Lucent Technologies provided already 50 000 USD. France Telecom R&D, as a supporting Company of the work item, kindly offered to conduct subjective tests free of charge (in French language). Dynastat communicated their interest to participate to the conversational tests in American English language, and to cover the function of Global Analysis Laboratory. A third laboratory (offering to run the remaining 3 conversational tests, after May, 1st, 2007, in an oriental language, i.e. Chinese) was identified, and confirmed their participation as subjective testing laboratory, the co-ordinates being the following : 

Mr. Xie Xiang  Ph.D, Associate Prof.

Modern Communication Lab.

Beijing Institute of Technology, Dept.E.E.

No.5 South Zhongguancun Street,

Haidian District,  Beijing  100081,  China

Tel. office: +86 10 68915838

Tel. Mobile: +86 13911180764

email: xiexiang@bit.edu.cn

The SQ Chairman informed that other two European laboratories communicated to him their potential interest to participate in this exercise as subjective testing laboratory (possibly offering to run the conversational tests in German and Italian language, respectively); however, no representatives of these labs were present at SA4#42, and these labs were not considered any further.
Miscellaneous information : At SA4#41 meeting, some background about the "test bed" was agreed to be put in the test plan (ground plan, wiring, room dimension, etc.), the purpose of collecting such information being to achieve maximum uniformity of the test environment across the labs (with reference to ITU-T P.800).  Lucent recommended that each participating test lab provided information about the test facilities to SA4 or to the test co-ordinator, so that a common solution on the hardware can be found with minimum impact also on the test quality. The potential labs were requested to provide the RJ45 cables (in order to avoid shipping cables).

Environmental noise injection will be the same in all testing  labs, as all labs will be provided by the same noise files (Dynastat volunteered).

Condition codes / conditions were agreed to be put in the test plan.

Labs asked to specify what is required from them.

The document S4-060513 was updated at SA$#42 into TD S4-070147.
TD S4-070147 Update of the Working Document for the Performance Characterization of VoIMS over HSDPA/EDCH, v0.1.0 (for information), was requested to be complemented asap by evidence that the JBM used in the test bed is fulfilling the objective minimum performance requirements and design guidelines given in draft TS 26.114. Also a high level functional description of the JBM was requested to be provided (e.g. see TD S4-070052 and TD S4-070055). The AMR error concealment solution adopted was also asked to be clarified (e.g. see examples in TS 26.091 and 26.191). It was clarified that the test bed assumed to use one frame / packet, and this information was confirmed to be already contained in an Appendix of the Working Document.
Allocation of documents at the SQ SWG meeting during SA4#42 :

Characterization of VoIMS over HSDPA\EUL
45, 46, 80, 128
Mr. David Huo presented TD S4-070045 Test Plan for the AMR NB/WB  Conversation Test in UMTS over HSDPA/EUL.  V.0.0.2, from Alcatel-Lucent.

This document contained the test plan of a conversation test for the selected speech codecs of Adaptive Multi-Rate Narrow-Band (AMR-NB) and Adaptive Multi-Rate Wide-Band (AMR-WB) in Packet Switched networks with HSDPA/HSUPA radio interface, where HSUPA is also referred to as EUL, or EDCH within the terminology of 3GPP-TSG-RAN. 

All the laboratories participating in the conversation test will use the same test plan, while each laboratory uses a different test language. 
Even if the test rooms or the test equipments will not be exactly the same in all the laboratories, the calibration procedures and the tests equipment characteristics will guarantee the similarity of the test conditions.
Discussion : the test plan was reviewed and updated in TD S4-070129 (the Working Document TD S4-070147 and the Lists of Randomized Presentation Orders were agreed to be attached as well).
TD S4-070129 Test Plan for the AMR NB/WB  Conversation Test in UMTS over HSDPA/EUL.  V.0.0.3, from Alcatel-Lucent, was agreed at SQ level and will be forwarded to SA4#42 closing Plenary for approval. This will constitute the technical Annex to the formal contracts between ETSI and the Subjective Testing / Global analysis Laboratories. 
Funding aspects : a compensation of 7000 (seven thousand) USD per experiment was agreed to be paid to the Subjective Testing Laboratories (except to France Telecom that agreed to work for free). A compensation of 7000  (seven thousand) USD was agreed to be paid to the Global Analysis Laboratory.
An amount of 1000 USD was reserved to Alcatel-Lucent to cover the shipping costs (tbc). Each Subjective Testing Laboratory will receive the 'test bed' from Alcatel-Lucent, and will send it back to Alcatel-Lucent free-of-charge, after completing the running of the subjective tests.
Dates of starting of the Subjective Tests in each Lab were agreed and put in TD S4-070129.

Mr. David Huo presented TD S4-070046 Explanation to the Test Conditions, from Alcatel-Lucent.
Using the error-delay files provided by RAN1, Alcatel-Lucent introduced the notions of mobility and traffics to characterize the channel conditions underlying the simulated data. Such notions were used in the test plan. This contribution contained a short explanation of the numerologies used in the test plan. For the test Alcatel-Lucent prepared 8 files to be used by the test bed.

Discussion : a log file was asked to be provided to the subjective testing labs by Dynastat, containing the sequence of experimental conditions and the randomization order for each experiment, that will be used for the setting of the experimental conditions (including the insertion of room noise and traces) and collect the raw data as well.
Conclusion : the document was agreed to be included in the Working Document.
Mr. Tomas Frankkila presented TD S4-070080 Fixed delay component for JBM characterization, from Ericsson.

The delay budget for VoIP in HSPA, and especially the fixed delay component, were discussed in the SA4#41 meeting. Both the “Characterization of Adaptive Jitter Management Performance for VoIP Services” and the “Performance Characterization of VoIMS over HSDPA\EUL Channels” work items required that the fixed delay component is agreed before the subjective conversational (real-time) tests can start. At the SA4#41 meeting, Ericsson agreed to provide information that can be used to resolve this issue.

A detailed example delay budget is described in this contribution. Note that many delay components are vendor specific and therefore depend on how the respective functions are implemented. This is especially true for the HARQ and scheduling functions, which are the major contributors to the delay jitter.

Ericsson proposed to use 100 ms as the fixed delay component in the test plan for the conversation tests. Note that the algorithmic delay of the AMR encoder and decoder would need to be removed from this value since these fixed delay components will be added by the simulation environment. Besides, Ericsson asked also to compensate for any additional fixed delay that may be introduced by the sound card playback function in the test equipment.

To remove any risk for errors, all variable delay components should be incorporated in the delay traces and the fixed delay component, with modifications due to speech encoder and decoder processing time and any extra playback delay, should be hard-coded into the test equipment.

Discussion : TTI alignment was asked to be clarified. There was a proposal to include the Table + some explanatory text in the Working Document (which was eventually left to be agreed off-line).
Mr. David Huo presented TD S4-070128 On the delay process, from Alcatel-Lucent.
TD S4-070080 expressed some concern on possible confusion caused by the statistic approach of the delay traces for the conversation test in this project, using the raw data provided by RAN1. In order to diagnose the cause of the confusion and eventually clear the confusion, Alcatel-Lucent provided an analysis of the problem, and elucidated the statistic background of the traces, their feasible usage and meaningful interpretations.
Discussion : this document was discussed in conjunction with the proposal of TD S4-070080.
A compromise was reached on the delay introduced by the backbone = 30 ms.

Explanatory text about the choice of 102 ms (minimum delay value from TD S4-070080) + 30 ms (agreed delay value for the component introduced by the backbone) + variable component of delay (due to traces provided by RAN1) was agreed to be introduced in the Working Document.
Others
None.
Terminals
None.
Output documents from SQ SWG to the SA4#42 Plenary:
S4-070129 Test Plan for the AMR NB/WB  Conversation Test in UMTS over HSDPA/EUL  V.0.0.3
Attachments : S4-070147  Update of the Working Document for the Performance Characterization of VoIMS over HSDPA/EDCH, v0.1.0 (for information) + randomizations of the presentation order.
See A. I. 11.3 for the Draft verbal Report of SQ SWG Meeting during SA4#42.
8.
Video codec ad-hoc

Documents allocated to this A.I. at the beginning of the meeting: 

Video Codec Performance Requirements 
102, 115, 176
See TD S4-070179 Draft Report of the Video Adhoc Group at SA4#42 under A.I. 11.1.
9.
Multimedia Telephony Service for IMS (MTSI) ad-hoc

Documents allocated to this A.I. at the beginning of the meeting: 

Agenda 
5

MTSI Media Handling and Interaction 
52, 54, 55, 56, 63, 64, 65*, 66, 81->175 WD, 82, 83, 84, 86, 93, 94, 95, 96, 97, 114

See TD S4-070177 Draft Report of Multimedia Telephony Service for IMS (MTSI) ad-hoc meeting during SA4#42 under A.I. 11.2.
Plenary Session
10.
Postponed Liaisons (from A.I. 4)
The TSG-SA WG4 Chairman presented at SA4#41 TD S4-060573 LS on 3GPP SAE&LTE Workplan, from TSG SA.TSG SA asked all WGs to review the contents of the workplan and provide feedback to relevant Work Item Rapporteurs and the contact person. Should dependencies on other WGs be identified, the relevant WGs should also be informed. This Liaison Statement was noted at the TSG SA4#41 Plenary and POSTPONED until SA4#42. The Chairman proposed to review this document later during SA4#42. It was POSTPONED until SA4#43.
Mr. Chris Steck presented TD S4-070133 Reply LS on Fast Channel Switching in RTP (To : ISMA). It was approved.
Mr. Dave Singer presented TD S4-070158 LS on 3GPP file format questions (To : DVB TM-AVC). It was approved.

Mr. Thorsten Lohmar presented TD S4-070214 Reply LS on FLUTE over IP Unicast (To : OMA BAC BCAST). It was approved.

Mr. Edward Hall presented TD S4-070139 Reply LS on DIMS / RME technology harmonisation (To : OMA BAC MAE). It was approved.
Mrs. Gaëlle Martin-Cocher presented TD S4-070137 Liaison Statement on LASeR and DIMS (To : ISO/IEC SC29/WG11 (MPEG)). It was approved.
Mr. Sylvain Devillers presented TD S4-070204 LS on DIMS and JSR 287 (To: Java Community Process - JSR 287 Experts Group). It was approved.
TD S4-070238 LS on MicroDom Extensions (To: Java Community Process - JSR 287 Experts Group) was revised in TD S4-070239.

TD S4-070239 LS on MicroDom Extensions (To: Java Community Process - JSR 287 Experts Group) was approved.
Mr. Suresh Chitturi presented TD S4-070216 LS on harmonization of DIMS & SVG 1.2 (To : W3C SVG WG, Cc : JCP - JSR 287 EG). It was proposed to remove JCP - JSR 287 EG and provide a separate LS to JCP - JSR 287 EG. TD S4-070216 was revised into TD S4-070237.
TD S4-070237 LS on harmonization of DIMS & SVG 1.2 (To : W3C SVG WG) was approved.
Mr.  Olle Franceschi presented TD S4-070227 LS on DIMS Security (To : SA3). It was revised into TD S4-070236.
TD S4-070236 LS on DIMS Security (To : SA3) was approved.
Mr. F. Gabin presented TD S4-070119 Reply Liaison on minimum number of supported SAE bearers in the UE (To : RAN2, Cc: SA2, TSG-RAN, TSG-SA, RAN3, TSA1). Ericsson opposed sending this LS, that was noted at the closing SA4#42 closing Plenary.
Mr. Thorsten Lohmar presented TD S4-070155 Draft Reply LS on Service Requirement for MBMS LTE (To : RAN, SA1, SA3, Cc : RAN1, RAN2, RAN3). Attachments were  MISSING. The LS was revised into TD S4-070224.
TD S4-070224 Reply LS on Service Requirement for MBMS LTE (To : RAN, SA1, SA3, Cc : RAN1, RAN2, RAN3) was approved.
Mr. Bernhard Feiten presented TD S4-070171 Reply LS on Optimised voice scheduling in LTE (To : RAN2, Cc: SA2). It was approved.
Mr. Tomas Frankkila presented TD S4-070172 Reply Liaison on Rate-Adaptive Real-time Media (To : RAN2, Cc: SA2). It was revised in TD S4-070225.
TD S4-070225 Reply Liaison on Rate-Adaptive Real-time Media (To : RAN2, Cc: SA2) was approved.
Mr. F. Gabin presented TD S4-070132 Reply Liaison on "protected MBMS services over MBMS broadcast"  (To : SA3, Cc: SA2, GERAN2, RAN2, CT3, CT1). It was approved.
Mr. Olle Franceschi presented TD S4-070120 LS Response to “LS on Support of G711 in MRFP” (To: CT1, CT4). It was revised in TD S4-070226.
TD S4-070226 LS Response to “LS on Support of G711 in MRFP” (To: CT1, CT4, Cc: SA, CT) was revised in TD S4-070234.
TD S4-070234 LS Response to “LS on Support of G711 in MRFP” (To: CT4, Cc: SA, CT, CT1) was approved.
TD S4-070112 LS on Request for guidance and information related to connexion of external hands-free (in cars) and mobile phone, from Chairman of ITU-T Focus Group On From/In/To Car Communication. Noted at the closing SA4#42 closing Plenary.
Mr. Igor Curcio presented TD S4-070146 LS on Service Class Handling (To : SA1). It was revised in TD S4-070228.

TD S4-070228 LS on Service Class Handling (To : SA1) was approved.
Mr. Rhys Robinson presented TD S4-070198 LS on eCall Data Transfer (To : SA1). Nokia felt one sentence did not reflect the discussion. It was It was revised in TD S4-070230.
Mr. Rhys Robinson presented TD S4-070230 LS on eCall Data Transfer (To : SA1, ETSI MSG). It was approved.
TSG-SA WG4 received at the closing Plenary of SA4#42 meeting TD S4-070206 LS on Multiple parallel MBMS Sessions, from TSG SA WG1. It was POSTPONED until SA4#43.
TSG-SA WG4 received at the closing Plenary of SA4#42 meeting TD S4-070207 Reply LS on Service Requirement for MBMS LTE, from TSG SA WG1. It was POSTPONED until SA4#43.
TSG-SA WG4 received at the closing Plenary of SA4#42 meeting TD S4-070208 Reply to LS R2-062730 from RAN2 on minimum number of supported SAE bearers in the UE, from TSG SA WG1. It was POSTPONED until SA4#43. 
11.
Reports and general issues from sub-working-groups/ad-hoc groups

11.1
Video ad-hoc
Mr. Dave Singer presented TD S4-070179 Draft Report of the Video Adhoc Group at SA4#42. 

Comments / Questions : none.
The report was approved.
Output Documents from Video ad-hoc Group presented during the SA4#42 Plenary : 
TD S4-070176 Draft TR v. 0.4.0 on Video Codec Performance Requirements (Release 7) 
See A.I. 13.3.

11.2
MTSI ad-hoc

Mr. Kari Järvinen presented TD S4-070177 Draft Report of Multimedia Telephony Service for IMS (MTSI) ad-hoc meeting during SA4#42. The report was approved.
See A.I. 13.4.

11.3
SQ SWG

The SQ SWG Chairman, Mr. P. Usai, presented verbally the Report of the SQ SWG session during SA4#42 meeting. See also A. I. 7 for the details. The report was approved.

Output documents from SQ SWG to be presented at the SA4#42 Plenary:
S4-070129 Test Plan for the AMR NB/WB  Conversation Test in UMTS over HSDPA/EUL  V.0.0.3
Attachments : S4-070147  Update of the Working Document for the Performance Characterization of VoIMS over HSDPA/EDCH, v0.1.0 (for information) + randomizations of the presentation order (of the test conditions).
See A.I. 13.6.

11.4
PSM SWG

Mr. F.  Gabin presented TD S4-070143 Draft Report of PSM SWG Meeting during SA4#42, from PSM SWG Chairman. 

Comments / Questions : none
The report was approved.

See A.I. 13.7, 13.8 and 13.9.
12.
Maintenance of features in Release 6 (and in earlier releases)

12.1
Performance characterization of default codecs for PS conversational multimedia application
None.


12.2
(Extended) Packet Switched Streaming Service 
39u->141a, 40u -> 182, 41a, 42 -> 183 pp to check sum value, 43a, 658&659 -> 87&88-> 184&185, 89a & 90->186a
Mr. Per Fröjdh presented at the TSG SA4#41 closing Plenary TD S4-060658 CR 26.244-0014 MIME Type Registrations for 3GP files (Rel-6), from Ericsson. It was provided for information. POSTPONED until SA4#42. It was revised in TD S4-070087.
TD S4-070087 CR 26.244-0014 rev 1 MIME Type Registrations for 3GP files (Release 6) was revised in S4-070184.
S4-070184 CR 26.244-0014 rev 2 MIME Type Registrations for 3GP files (Release 6) was agreed.
Mr. Per Fröjdh presented at the TSG SA4#41 closing Plenary TD S4-060659 CR 26.244-0015 MIME Type Registrations for 3GP files (Rel-7), from Ericsson. It was provided for information. POSTPONED until SA4#42. It was revised in TD S4-070088.
TD S4-070088 CR 26.244-0015 rev 1 MIME Type Registrations for 3GP files (Release 7) was revised in TD S4-070185.

TD S4-070185 CR 26.244-0015 rev 2 MIME Type Registrations for 3GP files (Release 7) was agreed.
Mr. Per Fröjdh presented TD S4-070089 CR 26.244-0016 Correction of sampling rate information (Release 6), from Ericsson. It was agreed.
Mr. Per Fröjdh presented TD S4-070090 CR 26.244-0017 Correction of sampling rate information (Release 7), from Ericsson. It was revised in TD S4-070186.
TD S4-070186 CR 26.244-0017 rev 1 Correction of sampling rate information (Release 7) was agreed.
TD S4-070039 CR 26.234-0105 Clarification of SDP rtpmap rate and audio sampling frequency signalling (Release 7), from Coding Technologies, was revised in TD S4-070141.
Mr. Dave Singer presented TD S4-070141 CR 26.234-0105 rev 1 Clarification of SDP rtpmap rate and audio sampling frequency signalling (Release 7). It was asked to the interested Companies to clarify the whole clause (at next meeting). The CR was agreed.
Mr. Frederic Gabin presented TD S4-070040 26.406-0005 Change of Enhanced aacPlus decoder conformance for the Parametric Stereo tool (Release 7), from Coding Technologies. It was revised in TD S4-070182.
TD S4-070182 26.406-0005 rev 1 Change of Enhanced aacPlus decoder conformance for the Parametric Stereo tool (Release 7) was agreed.
Mr. Frederic Gabin presented TD S4-070041 CR 26.410-0036 Bugfix for Enhanced aacPlus encoder when operated at 44.1 kHz (Release 6), from Coding Technologies. It was agreed.
Mr. Frederic Gabin presented TD S4-070042 CR 26.411-0017 Bugfix for Enhanced aacPlus encoder when operated at 44.1 kHz (Release 6), from Coding Technologies. It was revised in TD S4-070183.
TD S4-070183 CR 26.411-0017 rev 1 Bugfix for Enhanced aacPlus encoder when operated at 44.1 kHz (Release 6) was agreed.
Mr. Frederic Gabin presented TD S4-070043 CR 24.411-0018 Bugfix for the Enhanced aacPlus fixed point arithmetic library (Release 7), from Coding Technologies. It was agreed.

12.3
Extended AMR-WB codec
None.

12.4
MMS formats and codecs
None.

12.5
Codec Work to Support Speech Recognition Framework for Automated Voice Services
None.

12.6
Media Codecs and Formats for IMS Messaging and Presence
None.

12.7
Codec Enhancements for Packet Switched Conversational Multimedia Applications
None.

12.8
3G-324M Improvements
None.

12.9
Selection of one or more codec(s) for PoC
None.


12.10
MBMS User services 
TD S4-070067 CR 26.346-0071 Correction to File Repair (Release 6), from Nokia, was revised in TD S4-070117.
Mr. Imed Bouazizi presented TD S4-070117 CR 26.346-0071 rev 1 Correction to File Repair (Release 6). It was revised in TD S4-070187.
TD S4-070187 CR 26.346-0071 rev 2 Correction to File Repair (Release 6) was agreed.

TD S4-070068 CR 26.346-0072 Correction to File Repair (Release 7), from Nokia, was revised in TD S4-070118.
Mr. Imed Bouazizi presented TD S4-070118 CR 26.346-0072 rev 1 Correction to File Repair (Release 7), from Nokia. It was revised in TD S4-070188.
TD S4-070188 CR 26.346-0072 rev 2 Correction to File Repair (Release 7) was agreed.
Mr. Imed Bouazizi presented TD S4-070070 CR 26.346-0074 Correction of a wrong Reference (Release 6), from Nokia. It was revised in TD S4-070189.
TD S4-070189 CR 26.346-0074 rev 1 Correction of a wrong Reference (Release 6) was agreed.

Mr. Imed Bouazizi presented TD S4-070071 CR 26.346-0075 Correction of a wrong Reference (Release 7), from Nokia. It was revised in TD S4-070190.
TD S4-070190 CR 26.346-0075 rev 1 Correction of a wrong Reference (Release 7) was agreed.
Mr. Thorsten Lohmar presented TD S4-070073 CR 26.346-0079 Essential Corrections of the Reception Reporting Procedure (Release 6), from Ericsson. It was revised in TD S4-070191.
TD S4-070191 CR 26.346-0079 rev 1 Essential Corrections of the Reception Reporting Procedure (Release 6) was agreed.
Mr. Thorsten Lohmar presented TD S4-070074 CR 26.346-0080 Essential Corrections of the Reception Reporting Procedure (Release 7), from Ericsson. It was revised in TD S4-070192.
TD S4-070192 CR 26.346-0080 rev 1 Essential Corrections of the Reception Reporting Procedure (Release 7) was agreed.

12.11
Others

Mr. Naveen Shrinivasamurthy presented at the TSG SA4#41 closing Plenary TD S4-060561 CR 26.132-0030 Reference Update for ITU-T Recommendation P.57 “Artificial Ears” (Rel-6), from CETECOM GmbH. It was POSTPONED until SA4#42, waiting for clarification on the background of the CR, and justification for the CR to Release 6 (frozen Release). it was agreed.
TD S4-070021 CR 26.131-0023 Minimum echo loss requirements (Release 6), from Rohde & Schwarz GmbH & Co. KG, was revised in TD S4-070161.
Dr. Thomas Lechner presented TD S4-070161 CR 26.131-0023 rev 1 Minimum echo loss requirements (Release 6), from Rohde & Schwarz GmbH & Co. KG. It was agreed.
TD S4-070022 CR 26.131-0024 Reference to ITU-T G.223 in sending distortion and receiving distortion requirements (Release 6), from Rohde & Schwarz GmbH & Co. KG, was revised in TD S4-070162.
Dr. Thomas Lechner presented TD S4-070162 CR 26.131-0024 rev 1 Reference to ITU-T G.223 in sending distortion and receiving distortion requirements (Release 6). It was agreed.
TD S4-070023 CR 26.131-0025 Update of reference [11] to P.79-2001 Annex G (Release 6), from Rohde & Schwarz GmbH & Co. KG, was revised in TD S4-070163.
Dr. Thomas Lechner presented TD S4-070163 CR 26.131-0025 rev 1 Update of reference [11] to P.79-2001 Annex G (Release 6), from Rohde & Schwarz GmbH & Co. KG. It was agreed.
TD S4-070024 CR 26.131-0026 Volume control setting for echo loss requirements (Release 6), from Rohde & Schwarz GmbH & Co. KG, was revised in TD S4-070164.
Dr. Thomas Lechner presented TD S4-070164 CR 26.131-0026 rev 1 Volume control setting for echo loss requirements (Release 6), from Rohde & Schwarz GmbH & Co. KG. It was rejected. The issue was anyway recognized to exist, and a solution should be pursued asap.
TD S4-070025 CR 26.131-0027 Sending distortion requirements for WB-AMR (Release 6), from Rohde & Schwarz GmbH & Co. KG, was revised in TD S4-070165.
Dr. Thomas Lechner presented TD S4-070165 CR 26.131-0027 rev 1 Sending distortion requirements for WB-AMR (Release 6), from Rohde & Schwarz GmbH & Co. KG. It was agreed.
TD S4-070026 CR 26.132-0031 Update of reference [16] to P.79-2001 Annex G (Release 6), from Rohde & Schwarz GmbH & Co. KG, was revised in TD S4-070166.
Dr. Thomas Lechner presented TD S4-070166 CR 26.132-0031 rev 1 Update of reference [16] to P.79-2001 Annex G (Release 6), from Rohde & Schwarz GmbH & Co. KG. It was agreed.
TD S4-070027 CR 26.132-0032 Distinction between narrow-band and wideband telephony in the frequency ranges and loudness rating and STMR weights, and in ANR calculation (Release 6), from Rohde & Schwarz GmbH & Co. KG, was revised in TD S4-070167.
Dr. Thomas Lechner presented TD S4-070167 CR 26.132-0032 rev 1 Distinction between narrow-band and wideband telephony in the frequency ranges and loudness rating and STMR weights, and in ANR calculation (Release 6), from Rohde & Schwarz GmbH & Co. KG. It was agreed.
TD S4-070029 CR 26.173-0024 Correct text specification to be aligned with the C-code (Release 5), from Nokia, VoiceAge, was revised in TD S4-070193.
Mr. Pasi Ojala presented TD S4-070193 CR 26.173-0024 rev 1 Correct text specification to be aligned with the C-code (Release 5). It was agreed.
TD S4-070030 CR 26.173-0025 Correct text specification to be aligned with the C-code (Release 6), from Nokia, VoiceAge, was revised in TD S4-070194.
Mr. Pasi Ojala presented TD S4-070194 CR 26.173-0025 rev 1 Correct text specification to be aligned with the C-code (Release 6). It was agreed.
Mr. Stefan Bruhn presented TD S4-070103 CR 26.173-0026 Correction in AMR decoder to avoid division by zero in RX-DTX Handling (Release 7), from Ericsson. It was agreed.
Mr. Stefan Bruhn presented TD S4-070104 CR 26.204-0011 Maintaining bit-exactness with TS 26.173 after Correction in AMR decoder to avoid division by zero in RX-DTX Handling  (Release 7), from Ericsson. It was agreed.
Mr. Stefan Bruhn presented TD S4-070105 CR 26.290-0007 Informative Annex containing users guide (Release 7), from Ericsson, VoiceAge, Nokia. NEC and Coding Technologies expressed concern on this CR, that was felt lacking justification why the "expert mode" should be recommended. Siemens Networks suggested to change the terminology. Apple also felt the implementation should not be conditioned to a certain mode, provided the conformance tests are met.  It was revised in TD S4-070220.
TD S4-070220 CR 26.290-0007 rev 1 Informative Annex containing users guide (Release 7) was agreed.
Mr. Stefan Bruhn presented TD S4-070107 CR 26.204-0012 Bug fix to SID frame signaling in decoder (Release 7), from Ericsson. It was agreed.
Mr. Pasi Ojala presented TD S4-070218 CR 26.304-0042 Reference to users guide (Release 7), from Ericsson, VoiceAge, Nokia. It was agreed.
Mr. Pasi Ojala presented TD S4-070219 CR 26.273-0019 Reference to users guide (Release 7), from Ericsson, VoiceAge, Nokia. It was agreed.
13.
Release 7 Work Items

13.1
End-to-End Multimedia Services Performance Metrics (SA4)
Mr. Yan Zhang briefly summarized the output of an off-line session held to progress and harmonize the Draft TR 26.944.

Mr. Yan Zhang presented TD S4-070168 Draft TR 26.944 v1.0.2 of End-2-End Multimedia Services Performance Metrics (Release 7), from China Mobile. It was revised in TD S4-070196.
TD S4-070196 Draft TR 26.944 v1.0.3 of End-2-End Multimedia Services Performance Metrics (Release 7) was agreed to be presented for approval at next TSG SA#35 Plenary. The  SA4 Secretary will raise it to version 2.0.0. 
13.2
Transferring of Emergency Call data - In-band modem solution (SA4)
TD S4-070130 (revision of TD S4-070031) Summary of eCall requirements and recommendations/guidelines, from Airbiquity, was used during the ad-hoc session held on Thursday morning.
TD S4-070032  was revised twice (in TD S4-070170 -> TD S4-070178).
Mr. Rhys Robinson presented TD S4-070178 Revision of Draft TR 26.9xx on Transferring of emergency call data -- in-band modem solution (Release 7) (v. 0.0.2), from Airbiquity. It was edited on-line into TD S4-070197.
TD S4-070197 Draft TR 26.9xx on Transferring of emergency call data -- in-band modem solution (Release 7) (v. 0.0.3) was agreed.
A LS was proposed to be sent to SA1 (TD S4-070198 -> TD S4-070230, c/o Rhys Robinson, see A.I. 10).
13.3
Video Codec Performance Requirements (SA4)
Mr. Dave Singer presented TD S4-070176 Draft TR v. 0.4.0 on Video Codec Performance Requirements (Release 7). It was revised (one Editor's Note added) in TD S4-070201.
TD S4-070201 Draft TR 26.902 on Video Codec Performance (Release 7) was requested to be considered by Companies whether keeping or removing figures in it. It was agreed to be sent to SA#35 for information (v. 1.0.0).
13.4
Multimedia Telephony Service for IMS (SA1)
13.4.1 IMS Multimedia Telephony; Media Handling and Interaction (MTSI-MHI) (SA4)
Video
56
Simulation Results for MTSI Dynamic Video Adaptation Signalling, Qualcomm -> proposed way forward: as optional method, Nokia request for more time -> to be dealt within Rel-8 work.

Mr. Naveen Shrinivasamurthy presented TD S4-070056 Simulation Results for MTSI Dynamic Video Adaptation Signalling, from Qualcomm. See also the ad-hoc report in TD S4-070177.
Qualcomm proposed that the message structure defined in Section 7 of the document be included in the media session.
Comments / Questions : Ericsson felt the proposed feature from Qualcomm is not necessary but not opposed it as "optional". Qualcomm felt it brings advantage to rate adaptation. Nokia asked more time to consider hanging features to RTCP. 
Conclusion : there was agreement that Qualcomm fulfilled the task assigned at the Paris meeting. Only Qualcomm supported the proposal. The decision on this document was POSTPONED, then it was concluded that it will dealt with within Release 8 work. 
95->199 Update on Video support for MTSI, Ericsson -> proposed way forward: level 1b + revision in note -> agreed with revisions into next version of the draft TS

Mr. Olle Franceschi presented TD S4-070199 Update on Video support for MTSI, from Ericsson.

Comments / Questions : Qualcomm appreciated the additional note, but still expressed concern and asked more time (until next meeting, to check the consequences on complexity). Qualcomm felt level 1b acceptable, but not level 1.2 nor level 1.3. Nokia asked some time to check, then felt essential to have level 1b. Ericsson and Apple regretted that the level was not improved to level 1.2, but accepted the decision for this meeting. Ericsson anticipated that they will propose changes at next meeting. 
Conclusion : the agreed changes to this document were shown on the screen and the SA4 Chairman handed the revised text to the Editor for including it directly into the TS 26.114.
97u
MTSI video jitter buffer, Ericsson -> off-line  -> 127 to be taken directly to SA4#42 plenary level 127a  MTSI video jitter buffer, Ericsson 
Mr. Per Fröjdh presented TD S4-070097 MTSI video jitter buffer (revised) , from Ericsson.
Text was added under subclause 8.3 of TS 26.114.
Comments / Questions : none.

Conclusion : the proposed text was agreed and the Editor will include it into the draft TS 26.114.
Other issues
81u
Inter-working with non-MTSI VoIP clients, Ericsson -> 175 to SA4#42 plenary 
93-> 174 File format and codecs used for MSRP transport in MTSI, Ericsson -> level 1b to be recommended, mandated -> normative  ->  agreed with revisions into next version of the draft TS
Mr. Olle Franceschi presented TD S4-070174 Draft Annex on File format and codecs used for MSRP transport in MTSI, from Ericsson. 
Comments / Questions : it was noted that the video part still had a pending decision about TD S4-070199. Nokia pointed out that 'level 1b' was the preferred solution for them. Ericsson expressed disappointment that the level was not improved to level 1.2, but accepted the decision for this meeting. Ericsson anticipated that they will propose changes at next meeting. 
Conclusion : the decision on this document was initially POSTPONED. Then, after the agreement reached on the updated TD S4-070199, the agreed changes to this document were shown on the screen and the SA4 Chairman handed the revised text to the Editor for including it directly into the TS 26.114.
Draft TS 26.114

173nTS 26.114 V1.3.0 Editor's update, Editor (Ericsson) ->  off line to revise text for attributes "3GPP-granted-transfer-delay" and "3GPP-sync-jitter -> 211u -> 229a

Mr. Per Fröjdh presented TD S4-070173 TS 26.114 V1.3.0 IMS Multimedia Telephony - media handling and interaction (Release 7), from Editor (Ericsson). The text was reviewed on-line.
Questions/Comments: an Editor's Note that was deleted was asked to be considered again. Off-line discussion took place. Draft text on "3GPP granted transfer delay" with specific use cases as an optional feature was supported by Ericsson and Nokia, NEC preferred in principle not to have optional features but could accept it, provided all other open issues are solved, i.e. 3GPP synch-jitter, dynamic video adaptation, etc. Alcatel-Lucent asked to remove reference [41] since referring the web site of a private Organization, and asked to replace it with appropriate text. Off-line drafting session was held on Friday during lunch break.
The document was updated in TD S4-070211. 
TD S4-070211 TS 26.114 V1.4.0 IMS Multimedia Telephony - media handling and interaction (Release 7) was discussed. 

Discussion : "3GPP granted transfer delay" and dynamic video adaptation (as per TD S4-070056) could be moved to Release 8 (NEC, Qualcomm and Ericsson); Nokia felt TMMBR could be moved to Release 8, and "3GPP granted transfer delay" would stay in Release 7. Alcatel-Lucent and Apple felt the decision could be deferred to next meeting. Only Nokia opposed the Qualcomm proposal, and NEC, Qualcomm, Samsung and Ericsson opposed the Nokia's proposal. At this point, Nokia changed their position and accepted the Qualcomm's proposal for the sake of progressing the standardization within the Release 7 timeframe.
Conclusion : TD S4-070211 was updated in TD S4-070229.
TD S4-070229 TS 26.114 V1.5.0 Editor's update was agreed to be forwarded to TSG SA#35 Plenary for approval. The  SA4 Secretary will raise it to version 2.0.0.
13.5
Optimizations for Multimedia Telephony over IMS (SA4)
13.5.1 Characterisation of Adaptive Jitter Management Performance for VoIP Services (SA4)
Mr. D. Huo presented TD S4-070121 Draft Proposal for Stopping WID “Characterization of Adaptive Jitter Buffer Management Performance for VoIP Services”, from Alcatel-Lucent, Siemens Networks.
Conclusion : the document was revised in TD S4-070202.
TD S4-070202 Proposal for Stopping WI “Characterization of Adaptive Jitter Buffer Management Performance for VoIP Services” was agreed at the closing TSG SA4#42 Plenary.

The SA4 Chairman will ask the TSG SA#35 to stop the WI “Characterization of Adaptive Jitter Buffer Management Performance for VoIP Services (Release 7)”.
13.6
Performance Characterization of VoIMS over HSDPA\EUL channels (SA4)
129->213, 147
Mr. David Huo presented TD S4-070147 Proposed Updates to Working Document for the Performance Characterization of VoIMS over HSDPA/EDCH, v0.1.0, from Alcatel-Lucent.
Comments / Questions : none.

Conclusion : the document was noted at the closing TSG SA4#42 meeting and was attached to TD S4-070129.
Mr. David Huo presented TD S4-070129 Test Plan for the AMR NB/WB  Conversation Test in UMTS over HSDPA/EUL  V.0.0.3, from Alcatel-Lucent.
Comments / Questions : Nokia commented the block scheme in Figure 3 was not updated, and the document needed to be updated. Ericsson asked to provide evidence that the minimum performance performance of the used JBM were conforming to TS 26.114 and asked to provide an overall functional description of the JBM. Ericsson asked to provide also further information on delay and error profiles used in the testing. Nokia asked to provide also further information on the functional description of the error concealment used in the test-bed. Qualcomm shared the requests of Ericsson and Nokia.
TD S4-070129 was revised into TD S4-070213.

Conclusion : TD S4-070213 Test Plan for the AMR NB/WB  Conversation Test in UMTS over HSDPA/EUL  V.0.1.0 was conditionally agreed and conditionally approved at the closing TSG SA4#42 meeting (in this respect, SA#34 Plenary granted the approval power to SA4#42). The missing information (evidence that the minimum performance of the used JBM is conforming to TS 26.114, provide an overall functional description of the JBM, provide the functional description of the error concealment used in the test-bed) will be made available by Alcatel-Lucent, within the deadline of 21st February 2007; a teleconference was scheduled on the 26th February 2007 to discuss the forwarded information by Alcatel-Lucent, and, in positive case, approve the starting of the procedure at ETSI for contracting the laboratories.
The SA4 Secretary will start the procedure for contracting the subjective testing and GAL laboratories as soon as the technical Annex TD S4-070213 is formally APPROVED (by the participants to the teleconference on 26th February 2007).
13.7
Dynamic and interactive multimedia scenes (SA4)
195n, 205n (to be attached in LS 139)
Mr. D. Singer presented TD S4-070195 Draft TR 26.142 DIMS v. 1.3.0.  
Comments/Questions : the document was felt still containing some open issues.
Conclusion: TS 26.142 DIMS (Release 7) was agreed not to be ready yet to be presented for approval at next TSG SA#35 Plenary.

The  draft version 1.3.0 was noted at the closing SA4#42 Plenary.
Mr. Chris Steck presented TD S4-070205 UE Interaction with DIMS, from RealNetworks, Streamezzo, Nokia.
Comments/Questions : none
Conclusion: this document was noted at the closing SA4#42 Plenary.
LSs 216 -> 237a, 227u ->236a, 238u->239a
Mr. Edward Hall presented TD S4-070139 Reply LS on DIMS / RME technology harmonisation (To : OMA BAC MAE). See A.I. 10.
Mrs. Gaëlle Martin-Cocher presented TD S4-070137 Liaison Statement on LASeR and DIMS (To : ISO/IEC SC29/WG11 (MPEG)). See A.I. 10. 
Mr. Sylvain Devillers presented TD S4-070204 LS on DIMS and JSR 287 (To: Java Community Process - JSR 287 Experts Group). See A.I. 10. 

Mr. Suresh Chitturi presented TD S4-070216 -> TD S4-070237 LS on harmonization of DIMS & SVG 1.2 (To : W3C SVG WG, Cc : JCP - JSR 287 EG). See A.I. 10.
Mr. Dave Singer presented TD S4-070227-> TD S4-070236 LS on DIMS Security (To : SA3). See A.I. 10.

Mr. Sylvain Devillers presented TD S4-070204 LS on DIMS and JSR 287 (To: Java Community Process - JSR 287 Experts Group). See A.I. 10.
Mr. Sylvain Devillers presented TD S4-070238 ->TD S4-070239 LS on MicroDom Extensions (To: Java Community Process - JSR 287 Experts Group). See A.I. 10
CRs: 36, 37, 38 all 3 are pp to SA4#43

TD S4-070036 CR 26.234-0104 DIMS in PSS  (Release 7), from Streamezzo, was POSTPONED untilSA4#43.
TD S4-070037 CR 26.346-0070 DIMS in MBMS  (Release 7), from Streamezzo, was POSTPONED untilSA4#43.
TD S4-070038 CR 26.140-0014 DIMS in MMS  (Release 7), from Streamezzo, was POSTPONED untilSA4#43.
13.8
MBMS User Service Extensions (SA4)
LS 144u->214a, 145u->181u->217a, 152u->160u->215a, LS 146-> 228a, 159a, 169a, 210n
Mr. Thorsten Lohmar presented TD S4-070144 Draft Reply LS on FLUTE over IP Unicast (To : OMA BAC BCAST) was revised in TD S4-070214. See A. I. 10.
Mr. Thorsten Lohmar presented TD S4-070169 CR 26.346-0082 Flute session set-up with RTSP (Release 7), from Ericsson. It was agreed.
Mr. Thorsten Lohmar presented TD S4-070160 CR 26.346-0081 rev 3 Hybrid PSS / MBMS Streaming services (Release 7), from Ericsson. It was revised in TD S4-070215.

TD S4-070215 CR 26.346-0081 rev 4 Hybrid PSS / MBMS Streaming services (Release 7) was agreed.
Mr. Thorsten Lohmar presented TD S4-070159 CR 26.346-0077 rev 1 MBMS Download in Roaming Condition (Release 7), from Ericsson. It was agreed.
TD S4-070145 CR 26.346-0073 rev 1 Caching Directives in MBMS (Release 7), from Nokia, was revised in TD S4-070181.
Mr Imed Bouazizi presented TD S4-070181 CR 26.346-0073 rev 2 Caching Directives in MBMS (Release 7), from Nokia. It was revised in TD S4-070217.

TD S4-070217 CR 26.346-0073 rev 3 Caching Directives in MBMS (Release 7) was agreed.
Mr. Thorsten Lohmar presented TD S4-070210 Timeline for MBMSUSE & PSSe v.1.3, from Ericsson. It was noted.
13.9
Packet Switched Streaming Enhancements (PSSe) (SA4)
151 (CR with editor’s notes) pp to SA4#43, 154u -> off-line PSS video levels  -> 223a  
Mr. Thorsten Lohmar presented TD S4-070151 CR 26.234-0107 rev 2 Fast Content Switching and Start-up (Release 7), from Ericsson, Nokia, RealNetworks. It was POSTPONED until SA4#43.
Mr. Francois Martin presented TD S4-070154 CR 26.234-0106 rev 1 Upgrade of video codec requirements for PSS (Release 7), from NXP and Ericsson. It was revised into TD S4-070223.
TD S4-070223 CR 26.234-0106 rev 2 Upgrade of video codec requirements for PSS (Release 7) was agreed. Ericsson expressed disappointment for not aiming at higher performance level.

14.
Other Work Items under the responsibility of other TGS/WGs impacting SA4 work
None.
15.
New Work / New Work Items
Mr. Janusz Dobrowolski presented TD S4-070047 Adding RTSP Interface to the MRF Functional Unit, from Alcatel-Lucent. 
Comments : Ericsson commented the topic was out of SA4 field of interest, and suggested to bring the issue to the attention of SA1.
Mr. Janusz Dobrowolski presented TD S4-070200 LS on Using RTSP Fast Content Switching in MRF (To: SA1, SA2, CN1).

Comments : Ericsson opposed sending this LS. Alcatel-Lucent  expressed disappointment for the fact that the LS was not forwarded, due to the objecting position of one Company. 
Conclusiion : the document was noted at the closing SA4#42 Plenary. 
16.
Postponed issues

None.
17.
Review of the future work plan (next meeting dates, hosts)
TD S4-070006 Proposed form for late Rel-7 items was presented; the agreed WI forms will be forwarded to SA#34 and the SA4 Chairman will ask TSG SA to keep the Work Items in the list as part of Release 7. The document TD S4-070006 was noted.
TD S4-070209 Release 7 Submission form for WI Video Codec Performance Requirements (VicPer) was agreed.
TD S4-070212 Release 7 Submission form for WI Dynamic and Interactive Multimedia scenes (DIMS) was agreed.

TD S4-070221 Release 7 Submission form for WI Packet Switched Streaming Enhancements (PSSe) was revised in TD S4-070231.

TD S4-070231 Release 7 Submission form for WI Packet Switched Streaming Enhancements (PSSe) was agreed.
TD S4-070222 Release 7 Submission form for WI MBMS User Service Extensions (MBMSUSE) was revised in TD S4-070232.

TD S4-070232 Release 7 Submission form for WI MBMS User Service Extensions (MBMSUSE) was agreed.

TD S4-070203 Release 7 Submission form for WI Performance Characterization of VoIMS over HSDPA\EUL channels (VoIMS-PCVoIMS) was revised in TD S4-070233.
TD S4-070233 Release 7 Submission form for WI Performance Characterization of VoIMS over HSDPA\EUL channels (VoIMS-PCVoIMS) was agreed.

TD S4-070235 Release 7 Submission form for WI Emergency CALL (eCALL) was agreed.
The work plan (Rel-7) was provided by the SA4 Secretary, and will be updated. The S4 Secretary will take care of all changes agreed at SA4#42, that will be included in the revised WP (c/o 3GPP Technical Co-ordinator, Mr. A. Sultan).
	No.
	WI title :
	WI code
	% Completion
	Completion date

	1
	Combinational  Services (SA1) :

Stage 3 Specification of Combining CS and IMS services (SA4) BB
	CSICS

CSICS-Codec
	100%
	Completed

	2
	3G-324M video telephony Call Setup Times Improvements (SA4)
	VTCSTI
	100%
	Completed

	3
	End-to-End Multimedia Services Performance Metrics (SA4)
	E2EMSPM
	60 ->100%
	Thu 07/12/06 -> Thu 15/03/07

	4
	Dynamic and Interactive Multimedia Scenes (SA4) 
	DIMS
	60 -> 70%
	Thu 07/12/06 -> Thu 15/03/07 -> Thu 07/06/07 

	5
	MBMS User Service Extensions (SA4)
	MBMSUSE
	30 -> 50%
	Thu 07/06/07

	6
	Packet Switched Streaming Enhancements (SA4)
	PSSe
	25 -> 50%
	Thu 07/06/07

	7
	Video Codec Performance Requirements (SA4)
	VICPer
	60 -> 75%
	Thu 07/12/06 -> Thu 15/03/07     ->Thu 07/06/07

	8
	Multimedia Telephony Service for IMS (SA1) :

IMS Multimedia Telephony; media handling and interaction (SA4)
	MTSI

MTSI-MHI
	60 -> 100%
	Thu 15/03/07

	9
	Optimizations for Multimedia Telephony over IMS (SA4)

Characterisation of Adaptive Jitter Management Performance for VoIP Services (SA4) BB
	OMTIMS
OMTIMS-CAJMP
	55 ->
55 -> tbs
	Thu 07/12/06 -> Thu 15/03/07
Thu 07/12/06 -> Thu 15/03/07

	10
	Performance Characterization of VoIMS over HSDPA\EUL channels (SA4) 
	VoIMS-PCVoIMS
	50 -> 60%
	Thu 15/03/07 -> Thu 20/09/07

	11
	SI on Transferring of emergency call data – in-band modem solution
	eCALLIBMS
	0 -> 10%
	Thu 20/09/07


Proposed Plenary meetings TSG-SA WG4 in 2007

SA4#43 23  - 27 April 2007 (Venue : Rennes, France, Host : France Telecom)
SA4#44 25  - 29 June 2007 (Venue : Helsinki, Finland, Host : EF3)

SA4#45 3 - 7 September 2007 (Venue : tbd, Host : tbd)

SA4#46 29 October - 2 November 2007 (Venue : Sophia Antipolis, France, Host : ETSI)

Next ad-hoc meeting / teleconference dates : 
An Ad-hoc meeting on DIMS was foreseen to be held on 14 to 16 March 2007, Venue : Paris, France,  Host : Streamezzo.
SQ conference call: details of the meeting (bridge information, etc.) will be distributed via SA4 email exploder. Date : 26th February 2007 (5 to 7 p.m. CET, organized c/o Alcatel-Lucent).
Future 3GPP TSG meetings in 2007 are listed in the following Table.

	3GPP TSG Meetings
Feb 2007 

TITLE 

TYPE 

DATES 

LOCATION 

CTRY 

3GPPGERAN#33 

OR 

12 - 16 Feb 2007    

  Seoul
KR  

Mar 2007 

TITLE 

TYPE 

DATES 

LOCATION 

CTRY 

3GPPCT#35 

OR 

7 - 9 Mar 2007    

Lemesos   

CY  

3GPPRAN#35 

OR 

7 - 9 Mar 2007    

Lemesos   

CY  

3GPPSA#35 

OR 

12 - 15 Mar 2007    

Lemesos   

CY  

May 2007 

TITLE 

TYPE 

DATES 

LOCATION 

CTRY 

3GPPGERAN#34 

OR 

14 - 18 May 2007    

Shenzhen  

CN  

3GPPCT#36 

OR 

30 May - 1 Jun 2007    

Busan  

KR  

3GPPRAN#36 

OR 

30 May - 1 Jun 2007    

Busan  

KR  

Jun 2007 

TITLE 

TYPE 

DATES 

LOCATION 

CTRY 

3GPPSA#36 

OR 

4 - 7 Jun 2007    

Busan  

KR  

Aug 2007 

TITLE 

TYPE 

DATES 

LOCATION 

CTRY 

3GPPGERAN#35 

OR 

27 - 31 Aug 2007    

Dublin  

IE  

Sep 2007 

TITLE 

TYPE 

DATES 

LOCATION 

CTRY 

3GPPCT#37 

OR 

19 - 21 Sep 2007    

Riga  

LV  

3GPPRAN#37 

OR 

19 - 21 Sep 2007    

Riga  

LV  

3GPPSA#37 

OR 

24 - 27 Sep 2007    

Riga  

LV  

Nov 2007 

TITLE 

TYPE 

DATES 

LOCATION 

CTRY 

3GPPGERAN#36 

OR 

12 - 16 Nov 2007    

US  

US  

3GPPCT#38 

OR 

28 - 30 Nov 2007    

US  

US  

3GPPRAN#38 

OR 

28 - 30 Nov 2007    

US  

US  

Dec 2007 

TITLE 

TYPE 

DATES 

LOCATION 

CTRY 

3GPPSA#38 

OR 

3 - 7 Dec 2007    

US  

US  




18.
Any Other Business

Contributions to SA4 (deadline)

It was agreed since SA4#34 to provide documents over the reflector by Tuesday in the week prior to each TSG SA4 Plenary meeting.
Therefore, all input documents should be distributed over the 3GPP_TSG_SA_WG4 reflector by end of Tuesday (i.e. by midnight = 23:59 hours) Central European Time on the week preceding the SA4 meeting.

On Wednesday morning an off-line session was held to discuss the correctness of the classification of each 3GPP specification in the 3GPP Status List and/or in the fornt page (logo GSM/3GPP) as far as regards the application to GERAN and/or UTRAN based networks.
19.
Close of meeting: Friday February 2nd , at 17:00 hours (at the latest)
The TSG-SA WG4 Chairman, Mr. Kari Järvinen, thanked the host EF3 for the hospitality, and for all practical arrangements which allowed a smooth running of to the meeting, and thanked the Secretary and delegates for their hard work. The delegates thanked the Chairman and the Secretary.
The meeting was then closed.
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Proposed Meeting Agenda for SA4#42  
1.
Opening of the meeting: Monday January 29th, at 9:00 hours

2.
Approval of the agenda and registration of documents
2a, 3n 

3. Approval of previous meeting report 
761a

4.
Reports/Liaisons from other groups/meetings


4.1
TSG-SA#34 (4-7 December, 2006)
1n, 


573 (TSG-SA#33) -> pp to SA4#43
4.2
SA4 subgroups

4.2.1
MTSI ad-hoc #3 (11-13 December, 2006)
4a, 85n, 116n
4.2.2
Video ad-hoc teleconference (9 January, 2007)  oral report approved
4.2.3
PSM SWG meeting on PSSe and MBMSUSE (11-12 January, 2007)   18a
4.3
3GPP working groups

SAE/LTE:

 - Minimum number of supported SAE bearers in UE
569 (RAN2) & 747 -> companies to contact Frederic  -> 119n 
 - Service Requirement for MBMS LTE
597 (SA1) n, 12 (TSG-RAN)  -> PSM -> 131 -> 155 -> 224a

 - LS on Optimised voice scheduling in LTE
108 (RAN2), 65* -> MTSI (to be dealt immediately after afternoon coffee break on Wednesday) -> 171a
 - Rate adaptive real-time media 
752 (RAN2) -> MTSI (to be dealt immediately after afternoon coffee break on Wednesday) -> 172u -> 225a
 - UL/DL Rate Policing in the eNB
13 (SA2) n

MBMS:

 - Multiple parallel MBMS Sessions
11 (RAN3) n 

 - Protected MBMS services over MBMS broadcast 
14 (SA3) -> PSM -> 132a
Support of G.711
695 (CT4) -> Olle to draft LS -> 120u -> 226u->234a
Local Service Change
15 (RAN2) n, 44 (SA2) n
4.4
Other groups

ISO/IEC 14496-20: Information technology 
7 (MPEG) -> PSM noted
DIMS and LASeR
106 (MPEG) -> PSM -> 137a
Java Community Process (JCP)
20 (JCP JSR 287 Expert Group) -> PSM noted, 113 (JCP JSR 287 Expert Group) -> PSM -> 204a
Fast RTP Tune-In of Live Streams 
49 (ISMA) -> PSM -> 133a (related CR in 151)  
DIMS and RME harmonisation
59 (OMA BAC MAE) -> PSM -> 139  (205 to be attached) a
ITU-T media coding summary database 
8 (3GPP2 TSG-C) n
Draft 3GPP TR 26.944  
9 (ETSI STQ Mobile), 10 (ETSI STQ), 110 (ITU-T SG 12) -> all 3 pp. to A.I. 5.2. ->  no responses 
Invitation to participate in GSC TASK FORCE 
109 (ITU-T SG 12) n 
Video and Audio Coding in DVB services 
111(DVB TM-AVC) -> PSM -> 158a
Connexion of external hands-free and mobile phone
112 (Chairman of ITU-T Focus Group On From/In/To Car Communication) n
5.
Issues for immediate consideration  


5.1 
Coordination of VoIMS work (of WIs in Agenda Items 13.4, 13.5 and 13.6) 
48a -> David off-line drafting text to SA#35 -> 121u (to 13.5.1) -> 202a (note: “WID” -> “WI” & “Draft” and “buffer” removed in the title)
5.2
End-to-End Multimedia Services Performance Metrics  
9 (ETSI STQ Mobile) -> to be included to next version of the draft TR by TR Editor 

 

10 (ETSI STQ), 110 (ITU-T SG 12) -> E2EMSPM off-line session on Wednesday at 8:00 on QoE definition 


50a


51 -> the E2EMSPM off-line session on Wednesday at 8:00 will check if content should be included into the draft TR  

5.3
Transferring of Emergency Call Data – in-band modem solution
31n, 32 -> off-line at 8:00 on Thursday -> 178 (in 13.2)
Sub-Working-Group / ad-hoc sessions:
6.
Packet Switched Multimedia (PSM) SWG  

Agenda
19

PSSe and MBMSUSE
16, 17, 47, 69, 72, 75, 76, 77, 78, 79, 98, 101 

DIMS
28, 33, 34, 35, 36, 37, 38, 57, 58, 60, 61, 62, 91, 92, 99, 100, 

CRs
658&659->87&88, 89&90,
7. 
Speech Quality (SQ) SWG  

Characterisation of JBM for VoIP
53, 80*
Characterization of VoIMS over HSDPA\EUL
45, 46, 80*
8.
Video ad-hoc

Video Codec Performance Requirements 
102, 115
9. 
Multimedia Telephony Service for IMS (MTSI) ad-hoc


Agenda 
5

MTSI Media Handling and Interaction 
52, 54, 55, 56, 63, 64, 65*, 66, 81, 82, 83, 84, 86, 93, 94, 95, 96, 97, 114
Plenary Session: 

10. 
Postponed Liaisons (from A.I. 4)  
(For postponed Tdocs from A.I. 4., see sequence of events under A.I. 4.)

New LSs received during meeting:

206, 207 and 208 (SA1 LSs) postponed to SA4#34

11. 
Reports and general issues from sub-working-groups/ad-hoc groups 


11.1
Video ad-hoc
179a
11.2
MTSI ad-hoc
177a
11.3 
SQ SWG 

11.4 
PSM SWG  
143a
12.
Maintenance of features in Release 6 (and in earlier releases)
12.1
Performance characterisation of default codecs for PS conversational multimedia application 

12.2 
(Extended) Packet Switched Streaming Service  
39u->141a, 40u -> 182a, 41a, 42 -> 183a, 43a, 658&659 -> 87&88-> 184a&185a, 89a & 90->186a
12.3 
Extended AMR-WB codec  
 
12.4
MMS formats and codecs

12.5

Codec Work to Support Speech Recognition Framework for Automated Voice Services

12.6
Media Codecs and Formats for IMS Messaging and Presence

12.7
Codec Enhancements for Packet Switched Conversational Multimedia Applications  

12.8 
3G-324M Improvements


12.9
Selection of one or more codec(s) for PoC

12.10 
MBMS User Services
67u&68u->117u&118u-> 187a&188a, 70u&71u-> 189a&190a, 73u&74u ->191a&192a
12.11 
Others  
561a, 21u->161a, 22u->162a, 23u->163a, 24u->164r, 25u->165a, 26u->166a, 27u->167a, 29&30-> 193a&194a, 103a, 104a, 105 pp since off-line discussions needed -> 220a&218a&219a, 107a
13.
Release 7 Work Items

13.1
End-to-End Multimedia Services Performance Metrics (SA4)   168u-> 196a 
13.2 
Transferring of Emergency Call Data – in-band modem solution (SA4)    178u->197a, 198u -> 230a
13.3 
Video Codec Performance Requirements (SA4)     176u -> 201a    
13.4
Multimedia Telephony Service for IMS (SA1)

13.4.1 IMS Multimedia Telephony; Media Handling and Interaction (SA4)

Video:

56
Simulation Results for MTSI Dynamic Video Adaptation Signalling, Qualcomm -> proposed way forward: as optional method, Nokia request for more time -> to be dealt within Rel-8 work.
95->199 Update on Video support for MTSI, Ericsson -> proposed way forward: level 1b + revision in note -> agreed with revisions into next version of the draft TS
127a  MTSI video jitter buffer, Ericsson 
Other issues:

93-> 174 File format and codecs used for MSRP transport in MTSI, Ericsson -> level 1b to be recommended, mandated -> normative  ->  agreed with revisions into next version of the draft TS 
Draft TS 26.114

173nTS 26.114 V1.3.0 Editor's update, Editor (Ericsson) ->  off line to revise text for attributes "3GPP-granted-transfer-delay" and "3GPP-sync-jitter -> 211u -> 229a

13.5
Optimizations for Multimedia Telephony over IMS (SA4)


13.5.1
Characterisation of Adaptive Jitter Management Performance for VoIP Services (SA4)   
121u (to 13.5.1) -> 202a 
13.6
Performance Characterization of VoIMS over HSDPA\EUL Channels (SA4)  



129u -> editorial errors -> 213 conditionally agreed pending on evidence, 147n
13.7 
Dynamic and Interactive Multimedia Scenes (SA4)  195n, 205n (to be attached in LS 139), 


CRs: 36, 37, 38 all 3 are pp to SA4#43


216 -> 237a, 227u ->236a, 238u->239a
13.8
MBMS User Service Extensions (SA4)  
144u->214a, 145u->181u->217a, 152u->160u->215a, 146-> 228a, 159a, 169a, 210n 

13.9
Packet Switched Streaming Enhancements (SA4)   151 (CR with editor’s notes) pp to SA4#43, 154u -> off-line PSS video levels  -> 223a  
14.
Other Work Items under the responsibility of other TGS/WGs impacting SA4 work


15. 
New Work / New Work Items   
47n, 200n
16.
Postponed issues


17.
Review of the future work plan (next meeting dates, hosts)
6n,  

Dates & host of SA4#43 -> current dates & France Telecom hosting in France, 


3 day PSM DIMS ad hoc agreed, dates 14-16 March, Host Streamezzo, venue: Paris, France
eCall  Form: 235a (Rhys)

Video Codec Performance Requirements (SA4)    Form : 209a (Dave)

Performance Characterization of VoIMS over HSDlPA\EUL Form: 203u (David) -> 233a
DIMS: Form 212a (Gaelle)
MBMSUSE: Form 222u (Thorsten) -> 232a
PSSe: Form 221u (Thorsten) -> 231a
18.
Any Other Business
 
19. 
Close of meeting: Friday February 2nd, at 17:00 hours (at the latest)
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Annex 4 - List of Action Points

A. P. 1 

TD S4-070213 Test Plan for the AMR NB/WB  Conversation Test in UMTS over HSDPA/EUL  V.0.1.0 was conditionally agreed and conditionally approved at the closing TSG SA4#42 meeting (in this respect, SA#34 Plenary granted the approval power to SA4#42). The missing information (evidence that the minimum performance of the used JBM is conforming to TS 26.114, provide an overall functional description of the JBM, provide the functional description of the error concealment used in the test-bed) will be made available by Alcatel-Lucent, within the deadline of 21st February 2007; a teleconference was scheduled on the 26th February 2007 to discuss the forwarded information by Alcatel-Lucent, and, in positive case, approve the starting of the procedure at ETSI for contracting the laboratories.
The SA4 Secretary will start the procedure for contracting the subjective testing and GAL laboratories as soon as the technical Annex TD S4-070213 is formally APPROVED (by the participants to the teleconference on 26th February 2007).
Annex 5 - Output documents

New specs
TD S4-070229 TS 26.114 IMS Multimedia Telephony - media handling and interaction (Release 7), was agreed to be forwarded to TSG SA#35 Plenary for approval (v. 2.0.0)
TD S4-070196 TR 26.944 End-2-End Multimedia Services Performance Metrics (Release 7) v. 1.0.3 was agreed to be forwarded to TSG SA#35 Plenary for approval (v. 2.0.0).
TD S4-070201 TR 26.902 on Video Codec Performance (Release 7) was agreed to be sent to SA#35 for information (v. 1.0.0).
New / Revised WIDs/SIs
TD S4-070202 Proposal for Stopping WI “Characterization of Adaptive Jitter Buffer Management Performance for VoIP Services” was agreed at the closing TSG SA4#42 Plenary. The SA4 Chairman will ask the TSG SA#35 to stop the WI “Characterization of Adaptive Jitter Buffer Management Performance for VoIP Services (Release 7)”.
Change Requests
(Extended) Packet Switched Streaming Service
TD S4-070141 CR 26.234-0105 rev 1 Clarification of SDP rtpmap rate and audio sampling frequency signalling (Release 7)
TD S4-070182 26.406-0005 rev 1 Change of Enhanced aacPlus decoder conformance for the Parametric Stereo tool (Release 7)
TD S4-070041 CR 26.410-0036 Bugfix for Enhanced aacPlus encoder when operated at 44.1 kHz (Release 6)
TD S4-070043 CR 24.411-0018 Bugfix for the Enhanced aacPlus fixed point arithmetic library (Release 7)
TD S4-070089 CR 26.244-0016 Correction of sampling rate information (Release 6)
TD S4-070186 CR 26.244-0017 rev 1 Correction of sampling rate information (Release 7)
TD S4-070183 CR 26.411-0017 rev 1 Bugfix for Enhanced aacPlus encoder when operated at 44.1 kHz (Release 6)
TD S4-070184 CR 26.244-0014 rev 2 MIME Type Registrations for 3GP files (Release 6)
TD S4-070185 CR 26.244-0015 rev 2 MIME Type Registrations for 3GP files (Release 7)
MBMS User Services
TD S4-070187 CR 26.346-0071 rev 2 Correction to File Repair (Release 6)
TD S4-070188 CR 26.346-0072 rev 2 Correction to File Repair (Release 7)
TD S4-070189 CR 26.346-0074 rev 1 Correction of a wrong Reference (Release 6)
TD S4-070190 CR 26.346-0075 rev 1 Correction of a wrong Reference (Release 7)
TD S4-070191 CR 26.346-0079 rev 1 Essential Corrections of the Reception Reporting Procedure (Release 6)
TD S4-070192 CR 26.346-0080 rev 1 Essential Corrections of the Reception Reporting Procedure (Release 7)
MBMS User Service Extensions
TD S4-070169 CR 26.346-0082 Flute session set-up with RTSP (Release 7)
TD S4-070215 CR 26.346-0081 rev 4 Hybrid PSS / MBMS Streaming services (Release 7)
TD S4-070159 CR 26.346-0077 rev 1 MBMS Download in Roaming Condition (Release 7)
TD S4-070217 CR 26.346-0073 rev 3 Caching Directives in MBMS (Release 7)
Packet Switched Streaming Enhancements (PSSe)
TD S4-070223 CR 26.234-0106 rev 2 Upgrade of video codec requirements for PSS (Release 7)
Others
TD S4-060561 CR 26.132-0030 Reference Update for ITU-T Recommendation P.57 “Artificial Ears” (Rel-6)
TD S4-070161 CR 26.131-0023 rev 1 Minimum echo loss requirements (Release 6)
TD S4-070162 CR 26.131-0024 rev 1 Reference to ITU-T G.223 in sending distortion and receiving distortion requirements (Release 6)
TD S4-070163 CR 26.131-0025 rev 1 Update of reference [11] to P.79-2001 Annex G (Release 6)
TD S4-070165 CR 26.131-0027 rev 1 Sending distortion requirements for WB-AMR (Release 6)
TD S4-070166 CR 26.132-0031 rev 1 Update of reference [16] to P.79-2001 Annex G (Release 6)
TD S4-070167 CR 26.132-0032 rev 1 Distinction between narrow-band and wideband telephony in the frequency ranges and loudness rating and STMR weights, and in ANR calculation (Release 6)
TD S4-070103 CR 26.173-0026 Correction in AMR decoder to avoid division by zero in RX-DTX Handling (Release 7)
TD S4-070104 CR 26.204-0011 Maintaining bit-exactness with TS 26.173 after Correction in AMR decoder to avoid division by zero in RX-DTX Handling  (Release 7)
TD S4-070107 CR 26.204-0012 Bug fix to SID frame signaling in decoder (Release 7)
TD S4-070193 CR 26.173-0024 rev 1 Correct text specification to be aligned with the C-code (Release 5)
TD S4-070194 CR 26.173-0025 rev 1 Correct text specification to be aligned with the C-code (Release 6)
TD S4-070220 CR 26.290-0007 rev 1 Informative Annex containing users guide (Release 7) 
TD S4-070219 CR 26.273-0019 Reference to users guide (Release 7)
TD S4-070218 CR 26.304-0042 Reference to users guide (Release 7) 
Liaison Statements / Communications approved at SA4#42
	Tdoc no.
	Title
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	Copy to

	TD S4-070214
	Reply LS on FLUTE over IP Unicast
	OMA BAC BCAST
	

	TD S4-070133
	Reply LS on Fast Channel Switching in RTP
	ISMA
	

	TD S4-070158
	LS on 3GPP file format questions
	DVB TM-AVC
	

	TD S4-070139
	Reply LS on DIMS / RME technology harmonisation
	OMA BAC MAE
	

	TD S4-070137
	Liaison Statement on LASeR and DIMS
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	Reply LS on Optimised voice scheduling in LTE
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	Reply Liaison on Rate-Adaptive Real-time Media
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	TSG SA WG2

	TD S4-070132
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	TD S4-070234
	LS Response to “LS on Support of G711 in MRFP”
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	LS on DIMS Security
	TSG SA WG3
	

	TD S4-070237
	LS on harmonization of DIMS & SVG 1.2
	W3C SVG WG
	

	TD S4-070239
	LS on MicroDom Extensions
	Java Community Process - JSR 287 Experts Group
	

	TD S4-070230
	LS on eCall Data Transfer
	TSG SA WG1, ETSI MSG
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