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[bookmark: _Toc524217957]
	[bookmark: _Hlk12284787]First Change


[bookmark: _Toc26189026]6.3	RTP Tests
[Editor’s note: Aspects that are applicable both to RTP and SRTP. Priority 2]
[bookmark: _Toc26189027]6.3.1	General
This clause describes tests that are applicable to all RTP and SRTP packets. If not explicitly stated otherwise, any reference to RTP is equally applicable to SRTP. Tests that are only applicable to SRTP and not to RTP are specified in clause 6.5.
 [Editor’s note: Handling of changing SSRC?]
[Editor’s note: From RFC 3158: (what of this applies also to RTCP, e.g. padding?)
Receive packets with padding
Receive packets with marker bit (media specific)
Receive packets with sequence number wrap-around
Receive packets with timestamp wrap-around
Receive packet separation based on payload type
Receive packet ignoring undefined or unsupported payload type (two tests)
Receive packets with non-zero CC field and CSRC list
Send packets with correct padding (conditional to padding used)
Send packets with correct marker bit (media specific)
Send packets with SSRC chosen randomly (mandatory at least for SRTP)
Send packets with initial sequence number chosen randomly (mandatory at least for SRTP)
Send packets with sequence number incrementing by one for each RTP packet
Send packets with sequence number wrap-around
Send packets with initial timestamp chosen randomly (mandatory at least for SRTP)
Send packets with correct timestamp increment (media specific)
Send packets with timestamp wrap-around
Send packets with chosen payload type from signalling]
[bookmark: _Toc26189028][6.3.2	Basic RTP Bandwidth and Transmission Timing Tests
[Editor’s note: Think we want to highlight this in a separate heading, but may not be important]]
[bookmark: _Toc26189029][bookmark: _Toc26447286]6.3.2.1	Receive RTP Padding Test
Purpose:	Test if RTP packets with padding are correctly received.
FFS.
6.3.2.2	Send RTP Padding Test
Purpose:	Test if RTP packets with padding are correctly generated.
FFS.
6.3.2.3	SSRC Value Test
Purpose:	Test if the SSRC value is chosen randomly for every new RTP stream.
FFS.
6.3.2.4	Initial Sequence Number Test
Purpose:	Test if the Sequence Number start value is chosen randomly for every new RTP stream.
FFS.
6.3.2.5	Wrapped Sequence Number Test
Purpose:	Test if RTP packets are correctly received even when Sequence Number wraps around.
FFS.
6.3.2.6	Initial Time Stamp Test
Purpose:	Test if the Time Stamp start value is chosen randomly for every new RTP stream.
FFS.
6.3.2.7	Wrapped Time Stamp Test
Purpose:	Test if RTP packets are correctly received even when Time Stamp wraps around.
FFS.
6.3.2.7	Unknown Payload Type Test
Purpose:	Test if RTP packets with unknown (non-negotiated) payload type are correctly ignored.
FFS.
]
6.3.3	RTP Header Extension Tests
[Editor’s note: At a minimum, header extensions should be correctly skipped and ignored. If used, the profile specific field and length field(s) must be set correctly, and the total packet length must be consistent]
[bookmark: _Toc26189030][bookmark: _GoBack]6.3.3.1	Ignore Unknown Header Extension Test
Purpose:	Test if receiving RTP packets with an unknown header extension correctly ignores the header extension but accepts the RTP payload.
FFS.
6.3.4	RTP Contributing Source Tests
6.3.4.1	Ignore Contributing Source Test
Purpose:	Test if receiving RTP packets with a non-zero CC field and CSRC list correctly ignores the CSRC list but accepts the RTP payload.
FFS.
 [Editor’s note: At a minimum, CSRC list should be correctly skipped and ignored. Low priority]
[bookmark: _Toc26189031][6.3.5	RTP Voice Tests
[Editor’s note: Specific aspects for voice streams]
[bookmark: _Toc26189032]6.3.6	RTP Video Tests
[Editor’s note: Specific aspects for video streams]
[bookmark: _Toc26189033]6.3.7	RTP Text Tests
[Editor’s note: Specific aspects for text streams]]
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