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Agenda Item:
6
During offline editing of the design constraint section on Sampling Frequency and Audio Bandwidth, the sources arrived at the following suggestion for changes to this section.

	Parameter
	Design Constraint
	TR 22.813 V10.0.0
	note

	Sampling Frequency and Audio Bandwidth
	The encoder and decoder shall support 8, 16, 32, and 48 kHz sampling rates. 

The encoder shall support all four required input sampling rates in all operation modes.
The decoder shall support all four required output sampling rates in all operation modes.

Note: Functions that are necessary only for achieving the arbitrary selection of encoder / decoder input / output sampling rate are envisioned to be an informative part of the EVS standard. 
The encoder shall support input signals with different input signal bandwidth (NB, WB, SWB, and optionally FB) with frequency masks to be defined in the test plan.

For a given input sampling rate, the encoder shall support selecting the audio bandwidths (NB, WB, SWB, and optionally FB) to be encoded.

Note: The frequency response of the candidate codec may be narrower in bandwidth than the selected audio bandwidth.
	6.1.1.
	It is recommended that the EVS codec 

· have mandatory support of high-quality and high-efficiency operation of NB, WB, and SWB audio;
· may support FB audio. 
Note: NB audio is typically sampled at 8 kHz with an audio bandwidth of 100 – 3500 Hz. WB audio is typically sampled at 16 kHz with an audio bandwidth of 50 – 7000 Hz. SWB audio is typically sampled at 32 kHz with an audio bandwidth of 50 – 14000 Hz. FB audio typically provides an audio bandwidth up to 20000 Hz.










