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Introduction
Looking at the call flows in TR 23.856, clause 6.1.3, bullet 3 of 6.2.2.1 (should actually be 6.1.2.1, this is addressed in a different P-CR) doesn’t seem to be correct. In our understanding of the procedure, the purpose of the timer is to make the flow breaks overlap, and so minimize the voice break, not necessarily to start them at the same time.
Proposed Changes
**** Start of change ****
6.2.2.1
MSC Server

MSC Server should be enhanced with the following capabilities besides the functions defined in TS 23.216[3]:

1.
 When sending Session Transfer Initiation message (e.g. INVITE message), MSC Server shall not include the SDP information of MGW. MSC Server shall include it in the latter ACK message;

2.
MSC Server shall be predefined with the average time span for itself to send the message related to CS handover to the local UE.
3.
MSC Server shall initiate and manage a timer, which is used to synchronize the session transfer procedure and the CS handover procedure tocause the flow breaks caused by them to overlap, and so minimize the voice break. 

Editor’s Note:
It is FFS whether the scenario that MSC Server dose not support SIP interface to ICS/SCC AS should be considered. It should be further checked if SIP interface is mandatory for MSC Server enhanced for SRVCC in TS 23.216[3].
**** End of change ****
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