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Change 1 –  f_IMS_OtherResponse_200_MessageHeaderTX
	Function name
	f_IMS_OtherResponse_200_MessageHeaderTX

	Reason for change
	24.229, Section 5.1.4.1, mandates that the terminating UE (which is represented by SS in MO calls) includes “precondition” option-tag in all responses that include an SDP body. TTCN fails to do so for 200 OK for PRACK/UPDATE. This might not be overly critical for ordinary MO call, but for Call Hold it is important for UEs such that they will include precondition lines in the SDP of re-INVITE (and inclusion of precondition lines in re-INVITE for Call Hold is mandated by 24.229, and implemented in TTCN).  

	Summary of change
	Added a parameter to the function f_IMS_OtherResponse_200_MessageHeaderTX implementing 200 OK such that such additional tag for a Require header can be added selectively. Also added then such tag in the calls to f_IMS_OtherResponse_200_MessageHeaderTX that are relevant for TC 15.11



	TTCN module
	Common/IMS/IMS_Procedures_CallControl

	MCC160 Comment
	Accepted in principle subject to prose CR approval:
There shall be no Require header at all when there are no option tags (see below)
NOTE: A more generic solution may be considered in the prose e.g. change of A.3.1 to add Require header in DL whenever there is an SDP content


Before change

function f_IMS_OtherResponse_200_MessageHeaderTX(template (value) MessageHeader p_MessageHeader_Request,

                                                   template (omit) ContentType p_ContentType := omit,

                                                   template (omit) charstring p_EmergencyTelURI := omit,

                                                   charstring p_ContactUri := px_IMS_CalleeContactUri) runs on IMS_PTC return template (value) MessageHeader

  { /* @sic R5-130683: common handling for INVITE and UPDATE sic@ */

    /* p_EmergencyTelURI .. shall be set e.g. to tsc_IMS_Emergency_TelUri for condition A6 in A.3.1 */

    /* @sic R5s130756 additional changes: p_IsGIBA removed sic@ */

    var template (value) MessageHeader v_MessageHeader_Response := cs_MessageHeader_Dummy;

    var charstring v_Method := valueof(p_MessageHeader_Request.cSeq.method);

    var boolean v_A1A3 := false;

    var template (value) RouteBody_List v_RouteBodyList;

    var boolean v_IsEmergency := ispresent(p_EmergencyTelURI);   // Condition A6   @sic R5s130756 change 10 sic@

    select (v_Method) {

      case ("INVITE", "UPDATE") { v_A1A3 := true; }

    }

    v_MessageHeader_Response.via             := p_MessageHeader_Request.via;

    v_MessageHeader_Response.fromField       := p_MessageHeader_Request.fromField;

    v_MessageHeader_Response.toField         := f_IMS_Response_ToHeaderTX(p_MessageHeader_Request); /* @sic R5-131897, R5-132063 - generic handling of to-tags sic@ */

    v_MessageHeader_Response.callId          := p_MessageHeader_Request.callId;

    v_MessageHeader_Response.sessionId       := p_MessageHeader_Request.sessionId;   /* @sic R5s130195 BASELINE MOVING 2013 - SessionId sic@ */

    v_MessageHeader_Response.cSeq            := p_MessageHeader_Request.cSeq;

    v_MessageHeader_Response.contentType     := p_ContentType;

    if (v_A1A3) {

      v_RouteBodyList := f_IMS_RouteSet_MO_Call_TX(v_IsEmergency);                   /* @sic R5s130756 change 8: p_IsEmergency sic@ */

      v_MessageHeader_Response.recordRoute   := cs_RecordRoute(v_RouteBodyList);

      v_MessageHeader_Response.contact       := cs_Contact(f_SIP_BuildSipUri_TX(p_ContactUri));

    }

    if (v_IsEmergency) {    // Condition A6

      v_MessageHeader_Response.pAssertedID   := cs_PAssertedId(f_SIP_BuildSipUri_lr_TX(valueof(p_EmergencyTelURI)));

    }

    return v_MessageHeader_Response;

  }
After change

     function f_IMS_OtherResponse_200_MessageHeaderTX(template (value) MessageHeader p_MessageHeader_Request,

                                                   template (omit) ContentType p_ContentType := omit,

                                                   template (omit) charstring p_EmergencyTelURI := omit,

                                                   charstring p_ContactUri := px_IMS_CalleeContactUri,


                                               OptionTag_List p_AdditionalOptionTagsForRequire := tsc_OptionTagList_Empty) 


                                               runs on IMS_PTC return template (value) MessageHeader

  { /* @sic R5-130683: common handling for INVITE and UPDATE sic@ */

    /* p_EmergencyTelURI .. shall be set e.g. to tsc_IMS_Emergency_TelUri for condition A6 in A.3.1 */

    /* @sic R5s130756 additional changes: p_IsGIBA removed sic@ */

    var template (value) MessageHeader v_MessageHeader_Response := cs_MessageHeader_Dummy;

    var charstring v_Method := valueof(p_MessageHeader_Request.cSeq.method);

    var boolean v_A1A3 := false;

    var template (value) RouteBody_List v_RouteBodyList;

    var boolean v_IsEmergency := ispresent(p_EmergencyTelURI);   // Condition A6   @sic R5s130756 change 10 sic@

    var OptionTag_List v_OptionTag_List := p_AdditionalOptionTagsForRequire; 

    select (v_Method) {

      case ("INVITE", "UPDATE") { v_A1A3 := true; }

    }

    v_MessageHeader_Response.via             := p_MessageHeader_Request.via;


v_MessageHeader_Response.require         := cs_Require(v_OptionTag_List);  

    v_MessageHeader_Response.fromField       := p_MessageHeader_Request.fromField;

    v_MessageHeader_Response.toField         := f_IMS_Response_ToHeaderTX(p_MessageHeader_Request); /* @sic R5-131897, R5-132063 - generic handling of to-tags sic@ */

    v_MessageHeader_Response.callId          := p_MessageHeader_Request.callId;

    v_MessageHeader_Response.sessionId       := p_MessageHeader_Request.sessionId;   /* @sic R5s130195 BASELINE MOVING 2013 - SessionId sic@ */

    v_MessageHeader_Response.cSeq            := p_MessageHeader_Request.cSeq;

    v_MessageHeader_Response.contentType     := p_ContentType;

    if (v_A1A3) {

      v_RouteBodyList := f_IMS_RouteSet_MO_Call_TX(v_IsEmergency);                   /* @sic R5s130756 change 8: p_IsEmergency sic@ */

      v_MessageHeader_Response.recordRoute   := cs_RecordRoute(v_RouteBodyList);

      v_MessageHeader_Response.contact       := cs_Contact(f_SIP_BuildSipUri_TX(p_ContactUri));

    }

    if (v_IsEmergency) {    // Condition A6

      v_MessageHeader_Response.pAssertedID   := cs_PAssertedId(f_SIP_BuildSipUri_lr_TX(valueof(p_EmergencyTelURI)));

    }

    return v_MessageHeader_Response;

  }
MCC160 Implementation
	  function f_IMS_OtherResponse_200_MessageHeaderTX(template (value) MessageHeader p_MessageHeader_Request,

                                                   template (omit) ContentType p_ContentType := omit,

                                                   template (omit) charstring p_EmergencyTelURI := omit,

                                                   charstring p_ContactUri := px_IMS_CalleeContactUri,

                                                   OptionTag_List p_AdditionalOptionTagsForRequire := tsc_OptionTagList_Empty) 

    runs on IMS_PTC return template (value) MessageHeader

  { /* @sic R5-130683: common handling for INVITE and UPDATE sic@ */

    /* p_EmergencyTelURI .. shall be set e.g. to tsc_IMS_Emergency_TelUri for condition A6 in A.3.1 */

    /* @sic R5s130756 additional changes: p_IsGIBA removed sic@ */

    /* @sic R5s150237: parameter p_AdditionalOptionTagsForRequire sic@ */

    var template (value) MessageHeader v_MessageHeader_Response := cs_MessageHeader_Dummy;

    var charstring v_Method := valueof(p_MessageHeader_Request.cSeq.method);

    var boolean v_A1A3 := false;

    var template (value) RouteBody_List v_RouteBodyList;

    var boolean v_IsEmergency := ispresent(p_EmergencyTelURI);   // Condition A6   @sic R5s130756 change 10 sic@

    var template (omit) Require v_Require := omit; 

    if (lengthof(p_AdditionalOptionTagsForRequire) > 0) {
      v_Require := cs_Require(p_AdditionalOptionTagsForRequire); 

    }
    select (v_Method) {

      case ("INVITE", "UPDATE") { v_A1A3 := true; }

    }

    v_MessageHeader_Response.via             := p_MessageHeader_Request.via;

    v_MessageHeader_Response.require         := v_Require;                                          /* @sic R5s150237 sic@ */

    v_MessageHeader_Response.fromField       := p_MessageHeader_Request.fromField;

    v_MessageHeader_Response.toField         := f_IMS_Response_ToHeaderTX(p_MessageHeader_Request); /* @sic R5-131897, R5-132063 - generic handling of to-tags sic@ */

    v_MessageHeader_Response.callId          := p_MessageHeader_Request.callId;

    v_MessageHeader_Response.sessionId       := p_MessageHeader_Request.sessionId;   /* @sic R5s130195 BASELINE MOVING 2013 - SessionId sic@ */

    v_MessageHeader_Response.cSeq            := p_MessageHeader_Request.cSeq;

    v_MessageHeader_Response.contentType     := p_ContentType;

    if (v_A1A3) {

      v_RouteBodyList := f_IMS_RouteSet_MO_Call_TX(v_IsEmergency);                   /* @sic R5s130756 change 8: p_IsEmergency sic@ */

      v_MessageHeader_Response.recordRoute   := cs_RecordRoute(v_RouteBodyList);

      v_MessageHeader_Response.contact       := cs_Contact(f_SIP_BuildSipUri_TX(p_ContactUri));

    }

    if (v_IsEmergency) {    // Condition A6

      v_MessageHeader_Response.pAssertedID   := cs_PAssertedId(f_SIP_BuildSipUri_lr_TX(valueof(p_EmergencyTelURI)));

    }

    return v_MessageHeader_Response;

  }


Change 2 –  f_IMS_MOCallSetup_AnnexC21C25_Steps5_8
	Function name
	f_IMS_MOCallSetup_AnnexC21C25_Steps5_8

	Reason for change
	See Change 1

	Summary of change
	Added a parameter to the relevant calling places of function f_IMS_OtherResponse_200_MessageHeaderTX such that the precondition tag will be added to the Require header

	TTCN module
	Common/IMS/IMS_Procedures_CallControl

	MCC160 Comment
	Accepted subject to prose CR approval
NOTE: A more generic change of the prose may be considered but in any case C25 needs to be covered by the prose CR


Before change

      function f_IMS_MOCallSetup_AnnexC21C25_Steps5_8(IMS_InviteRequestWithSdp_Type p_InviteRequestWithSdp,

                                                  template (value) MessageHeader p_MessageHeader_Prev183Response,

                                                  boolean p_GeolocationInfoAvailable := false,

                                                  template SDP_Message p_SDP_Message_Step5or7 := omit,

                                                  template (omit) SDP_Message p_PrevSDP_Message := omit,

                                                  boolean p_IsEmergency := false) runs on IMS_PTC return SDP_Message

  { /* p_SDP_Message_Step5or7 .. used in case of video (C.25) */

    /* @sic R5s130756 additional changes: p_IsGIBA removed sic@ */

    /* @sic R5w140112: p_InviteRequest changed to p_InviteRequestWithSdp */

    /* @sic R5s140686, R5-144755: parameter p_PrevSDP_Message sic@ */

    /* @sic R5s141155 change 2: new parameter p_IsEmergency sic@ */

    var SipUrl v_ContactUrl := f_MessageHeader_GetContactSipUrl(p_MessageHeader_Prev183Response);    /* @sic R5s130333 change 8.2 - acc. to A.2.4, A.2.5 same as in previous response sic@ */

    var INVITE_Request v_InviteRequest := p_InviteRequestWithSdp.Invite;

    var SDP_Message v_SDP_Message := p_InviteRequestWithSdp.SdpOffer;  /* @sic R5w140112 sic@ */

    var charstring v_FmtAudio;

    var template (present) SDP_Message v_SDP_Message_Step5or7;

    var template (present) MessageBody v_MessageBody;

    var boolean v_MediaConfigured := false;

    var IMS_DATA_REQ v_IMS_DATA_REQ;

    var template (value) IMS_RoutingInfo_Type v_RoutingInfo_DL;

    var template (present) MessageHeader v_MessageHeader_Prack;

    var template (present) MessageHeader v_MessageHeader_Update;

    var template (omit) MessageBody v_MessageBodyTx := omit;

    var template (omit) ContentType v_ContentType := omit;

    var PRACK_Request v_PrackRequest;

    var UPDATE_Request v_UpdateRequest;

    var SDP_Message v_SDP_LatestOffer;

    if (isvalue(p_PrevSDP_Message)) {   /* e.g. in case of C.27 the INVITE's SDP message is not the latest SDP sent by the UE */

      v_SDP_Message := valueof(p_PrevSDP_Message);

    }

    if (not ispresent(p_SDP_Message_Step5or7)) {

      v_FmtAudio := f_SDP_MediaDescr_GetAMR_8000_1(v_SDP_Message.media_list[0]);

      v_SDP_Message_Step5or7 := f_IMS_BuildSDP_AnnexC21_Step5or7(v_FmtAudio);     /* => use speech per default */

    } else {

      v_SDP_Message_Step5or7 := p_SDP_Message_Step5or7;         /* In case of video the SDP message needs to be handed over

                                                                   NOTE: compiler warning cannot be avoided here */

    }

    // Step 5. Receive PRACK

    v_MessageHeader_Prack := f_IMS_PrackRequest_MessageHeaderRX(v_InviteRequest, p_MessageHeader_Prev183Response);

    IMS_Server.receive(car_IMS_Prack_Request(cr_PRACK_Request(v_ContactUrl, v_MessageHeader_Prack, cr_MessageBody_SDP ifpresent))) -> value v_IMS_DATA_REQ;

    v_PrackRequest := v_IMS_DATA_REQ.Request.Prack;

    v_RoutingInfo_DL := f_IMS_RoutingInfo_ULtoDL(v_IMS_DATA_REQ.RoutingInfo);

    // fl_IMS_Params_CheckSigComp(v_PrackRequest.msgHeader.route.routeBody[0].rrParam);     // acc. to 34.229-1 cl. 13.2.4 step 4 (PRACK) "comp=sigcomp" is optional for Via and Route

    // Step 6. Send 200 OK

    if (ispresent(v_PrackRequest.messageBody)) {

      v_SDP_LatestOffer := f_IMS_SIP_SdpMessageBody_DecodeMatchAndCheckSDP(v_PrackRequest.messageBody, v_SDP_Message_Step5or7);  // @sic R5w140112 sic@

      // check session version increased @sic R5-150702: done in f_IMS_SIP_DecodeMatchAndCheckSDP sic@ */

      v_ContentType := cs_ContentTypeSDP;

      v_MessageBodyTx := cs_MessageBody_SDP(f_IMS_BuildSDP_AnnexC21C25_Step6or8(v_SDP_LatestOffer));    /* @sic R5w140112 sic@ */

      v_MediaConfigured := true;

    }

    IMS_Server.send(cas_IMS_DATA_RSP(v_RoutingInfo_DL, cs_Response(c_statusLine200, f_IMS_OtherResponse_200_MessageHeaderTX(v_PrackRequest.msgHeader, v_ContentType), v_MessageBodyTx)));

    // Step 7 Optional. Receive Update

    // Note: UE will send Update if Media is not yet configured

    if (not v_MediaConfigured) {

      v_MessageHeader_Update := f_IMS_UpdateRequest_MessageHeaderRX(v_InviteRequest, p_IsEmergency);  /* @sic R5s141155 change 2 sic@ */

      v_MessageBody := f_SIP_MessageBodySDP_RX(p_GeolocationInfoAvailable);

      if (p_GeolocationInfoAvailable) {

        v_MessageHeader_Update.geolocation := cr_GeolocationAny;

        v_MessageHeader_Update.geolocationRouting := cr_GeolocationRoutingSupported; // @sic R5-134798 sic@

        v_MessageHeader_Update.contentType := cr_ContentType("multipart/mixed");

      }

      IMS_Server.receive(car_IMS_Update_Request(cr_UPDATE_Request(v_ContactUrl, v_MessageHeader_Update, v_MessageBody))) -> value v_IMS_DATA_REQ;

      v_UpdateRequest := v_IMS_DATA_REQ.Request.Update;

      v_RoutingInfo_DL := f_IMS_RoutingInfo_ULtoDL(v_IMS_DATA_REQ.RoutingInfo);

      v_SDP_LatestOffer := f_IMS_MessageBody_CheckSdpMessageAndGeolocation(v_UpdateRequest.messageBody, v_SDP_Message_Step5or7);  /* @sic R5w140112 sic@ */

      //fl_IMS_Params_CheckSigComp(v_UpdateRequest.msgHeader.route.routeBody[0].rrParam);     // acc. to 34.229-1 cl. 13.2.4 step 6 (UPDATE) "comp=sigcomp" is optional for Via and Route

      // check session version increased @sic R5-150702: done in f_IMS_SIP_DecodeMatchAndCheckSDP sic@ */

      v_ContentType := cs_ContentTypeSDP;

      v_MessageBodyTx := cs_MessageBody_SDP(f_IMS_BuildSDP_AnnexC21C25_Step6or8(v_SDP_LatestOffer));    /*  @sic R5w140112 sic@ */

      v_MediaConfigured := true;

      // Step 8 Optional. Send 200 OK

      IMS_Server.send(cas_IMS_DATA_RSP(v_RoutingInfo_DL, cs_Response(c_statusLine200, f_IMS_OtherResponse_200_MessageHeaderTX(v_UpdateRequest.msgHeader, v_ContentType), v_MessageBodyTx)));

    }

    return v_SDP_LatestOffer;

  }
After change

       function f_IMS_MOCallSetup_AnnexC21C25_Steps5_8(IMS_InviteRequestWithSdp_Type p_InviteRequestWithSdp,

                                                  template (value) MessageHeader p_MessageHeader_Prev183Response,

                                                  boolean p_GeolocationInfoAvailable := false,

                                                  template SDP_Message p_SDP_Message_Step5or7 := omit,

                                                  template (omit) SDP_Message p_PrevSDP_Message := omit,

                                                  boolean p_IsEmergency := false) runs on IMS_PTC return SDP_Message

  { /* p_SDP_Message_Step5or7 .. used in case of video (C.25) */

    /* @sic R5s130756 additional changes: p_IsGIBA removed sic@ */

    /* @sic R5w140112: p_InviteRequest changed to p_InviteRequestWithSdp */

    /* @sic R5s140686, R5-144755: parameter p_PrevSDP_Message sic@ */

    /* @sic R5s141155 change 2: new parameter p_IsEmergency sic@ */

    var SipUrl v_ContactUrl := f_MessageHeader_GetContactSipUrl(p_MessageHeader_Prev183Response);    /* @sic R5s130333 change 8.2 - acc. to A.2.4, A.2.5 same as in previous response sic@ */

    var INVITE_Request v_InviteRequest := p_InviteRequestWithSdp.Invite;

    var SDP_Message v_SDP_Message := p_InviteRequestWithSdp.SdpOffer;  /* @sic R5w140112 sic@ */

    var charstring v_FmtAudio;

    var template (present) SDP_Message v_SDP_Message_Step5or7;

    var template (present) MessageBody v_MessageBody;

    var boolean v_MediaConfigured := false;

    var IMS_DATA_REQ v_IMS_DATA_REQ;

    var template (value) IMS_RoutingInfo_Type v_RoutingInfo_DL;

    var template (present) MessageHeader v_MessageHeader_Prack;

    var template (present) MessageHeader v_MessageHeader_Update;

    var template (omit) MessageBody v_MessageBodyTx := omit;

    var template (omit) ContentType v_ContentType := omit;

    var PRACK_Request v_PrackRequest;

    var UPDATE_Request v_UpdateRequest;

    var SDP_Message v_SDP_LatestOffer;

    if (isvalue(p_PrevSDP_Message)) {   /* e.g. in case of C.27 the INVITE's SDP message is not the latest SDP sent by the UE */

      v_SDP_Message := valueof(p_PrevSDP_Message);

    }

    if (not ispresent(p_SDP_Message_Step5or7)) {

      v_FmtAudio := f_SDP_MediaDescr_GetAMR_8000_1(v_SDP_Message.media_list[0]);

      v_SDP_Message_Step5or7 := f_IMS_BuildSDP_AnnexC21_Step5or7(v_FmtAudio);     /* => use speech per default */

    } else {

      v_SDP_Message_Step5or7 := p_SDP_Message_Step5or7;         /* In case of video the SDP message needs to be handed over

                                                                   NOTE: compiler warning cannot be avoided here */

    }

    // Step 5. Receive PRACK

    v_MessageHeader_Prack := f_IMS_PrackRequest_MessageHeaderRX(v_InviteRequest, p_MessageHeader_Prev183Response);

    IMS_Server.receive(car_IMS_Prack_Request(cr_PRACK_Request(v_ContactUrl, v_MessageHeader_Prack, cr_MessageBody_SDP ifpresent))) -> value v_IMS_DATA_REQ;

    v_PrackRequest := v_IMS_DATA_REQ.Request.Prack;

    v_RoutingInfo_DL := f_IMS_RoutingInfo_ULtoDL(v_IMS_DATA_REQ.RoutingInfo);

    // fl_IMS_Params_CheckSigComp(v_PrackRequest.msgHeader.route.routeBody[0].rrParam);     // acc. to 34.229-1 cl. 13.2.4 step 4 (PRACK) "comp=sigcomp" is optional for Via and Route

    // Step 6. Send 200 OK

    if (ispresent(v_PrackRequest.messageBody)) {

      v_SDP_LatestOffer := f_IMS_SIP_SdpMessageBody_DecodeMatchAndCheckSDP(v_PrackRequest.messageBody, v_SDP_Message_Step5or7);  // @sic R5w140112 sic@

      // check session version increased @sic R5-150702: done in f_IMS_SIP_DecodeMatchAndCheckSDP sic@ */

      v_ContentType := cs_ContentTypeSDP;

      v_MessageBodyTx := cs_MessageBody_SDP(f_IMS_BuildSDP_AnnexC21C25_Step6or8(v_SDP_LatestOffer));    /* @sic R5w140112 sic@ */

      v_MediaConfigured := true;

    }


IMS_Server.send(cas_IMS_DATA_RSP(v_RoutingInfo_DL, cs_Response(c_statusLine200, f_IMS_OtherResponse_200_MessageHeaderTX(v_PrackRequest.msgHeader, v_ContentType, -, -, tsc_OptionTagList_precondition), v_MessageBodyTx)));

    // Step 7 Optional. Receive Update

    // Note: UE will send Update if Media is not yet configured

    if (not v_MediaConfigured) {

      v_MessageHeader_Update := f_IMS_UpdateRequest_MessageHeaderRX(v_InviteRequest, p_IsEmergency);  /* @sic R5s141155 change 2 sic@ */

      v_MessageBody := f_SIP_MessageBodySDP_RX(p_GeolocationInfoAvailable);

      if (p_GeolocationInfoAvailable) {

        v_MessageHeader_Update.geolocation := cr_GeolocationAny;

        v_MessageHeader_Update.geolocationRouting := cr_GeolocationRoutingSupported; // @sic R5-134798 sic@

        v_MessageHeader_Update.contentType := cr_ContentType("multipart/mixed");

      }

      IMS_Server.receive(car_IMS_Update_Request(cr_UPDATE_Request(v_ContactUrl, v_MessageHeader_Update, v_MessageBody))) -> value v_IMS_DATA_REQ;

      v_UpdateRequest := v_IMS_DATA_REQ.Request.Update;

      v_RoutingInfo_DL := f_IMS_RoutingInfo_ULtoDL(v_IMS_DATA_REQ.RoutingInfo);

      v_SDP_LatestOffer := f_IMS_MessageBody_CheckSdpMessageAndGeolocation(v_UpdateRequest.messageBody, v_SDP_Message_Step5or7);  /* @sic R5w140112 sic@ */

      //fl_IMS_Params_CheckSigComp(v_UpdateRequest.msgHeader.route.routeBody[0].rrParam);     // acc. to 34.229-1 cl. 13.2.4 step 6 (UPDATE) "comp=sigcomp" is optional for Via and Route

      // check session version increased @sic R5-150702: done in f_IMS_SIP_DecodeMatchAndCheckSDP sic@ */

      v_ContentType := cs_ContentTypeSDP;

      v_MessageBodyTx := cs_MessageBody_SDP(f_IMS_BuildSDP_AnnexC21C25_Step6or8(v_SDP_LatestOffer));    /*  @sic R5w140112 sic@ */

      v_MediaConfigured := true;

      // Step 8 Optional. Send 200 OK


  IMS_Server.send(cas_IMS_DATA_RSP(v_RoutingInfo_DL, cs_Response(c_statusLine200, 


  f_IMS_OtherResponse_200_MessageHeaderTX(v_UpdateRequest.msgHeader, v_ContentType, - , -, tsc_OptionTagList_precondition), 


  v_MessageBodyTx)));

    }

    return v_SDP_LatestOffer;

  }
