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	Reason for change:
	UEs are allowed to include the direction attribute “a=sendrecv” in INVITE or UPDATE during call initiation but cannot be required to do so in the scenarios at hand
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	Removed “a=sendrecv” from INVITE and UPDATE in call initiation procedures.
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1. [bookmark: _Toc122434485][bookmark: _Toc68082097]Overview

This document lists all the changes needed to correct issues in the ATS iWD-TTCN3-B2020-09_D21wk12 related to the title of this CR.
Contact:	Hans Rohnert
	hans.rohnert@rohde-schwarz.com
1. [bookmark: _Toc122434488][bookmark: _Toc295288959][bookmark: _Toc68082098]Corrections required
1. [bookmark: _Toc68082099]Change 1
	Function name
	f_IMS_MOCallSetup_NR5GC_A_4_1_Step6_7

	Reason for change
	UEs are allowed to include the direction attribute “a=sendrecv” in INVITE or UPDATE during call initiation but cannot be required to do so in the scenarios at hand

	Summary of change
	Removed “a=sendrecv” from INVITE and UPDATE in call initiation procedures.

	TTCN module
	Common/IMS/IMS_Procedures_5G

	MCC160 Comment
	



[bookmark: _Hlk67904045]Before Change:
	function f_IMS_MOCallSetup_NR5GC_A_4_1_Step6_7(IMS_InviteRequestWithSdp_Type p_InviteRequestWithSdp,
                                                 charstring p_ContactUri := px_IMS_CalleeContactUri,
                                                 boolean p_GeolocationInfoAvailable := false,
                                                 IMS_CallType_Type p_CallType := NORMAL_CALL,
                                                 IMS_SDP_AudioCodec_Type p_AudioCodec := EVS_16000,
                                                 IMS_PreconditionIndication_Type p_PreconditionIndication := PreconditionRequired) runs on IMS_PTC return SDP_Message
  {
    var SipUrl v_ContactUrl := valueof(f_SIP_BuildSipUri_TX(p_ContactUri));     /* Contact address of the SS as assigned to the UE e.g. in the 183 Session Progress
                                                                                 * NOTE 1: in other cases the SipUrl is taken from the 183 Session Progress as sent to the UE (f_MessageHeader_GetContactSipUrl)
                                                                                 *         => it is the exact value but not a template
                                                                                 * NOTE 2: in general px_IMS_CalleeContactUri is used in the 183 Session Progress (i.e. we don't need to hand it over as parameter) */
    var template (present) SDP_Message v_SdpOffer := f_IMS_BuildSDP_UpdatedOfferAudio_RX(p_InviteRequestWithSdp.SdpOffer, -, p_AudioCodec);
    v_SdpOffer.media_list[0].attributes := f_SDP_Attributes_Add_RX(v_SdpOffer.media_list[0].attributes, cs_SDP_Attribute_sendrecv);  /* !!!! PROSE ISSUE: !!!!
                                                                                                                                        !!!! according to RFC 4566 there should be no need to include a sendrecv attribute as sendrecv is assumed per default; !!!!
                                                                                                                                        !!!! furthermore sendrecv can be at session or at media level !!!! */
    return f_IMS_MOCallSetup_ReceiveUpdateSend200OK(p_InviteRequestWithSdp.Invite, v_ContactUrl, v_SdpOffer, p_GeolocationInfoAvailable, p_CallType, p_PreconditionIndication);
  }



After Change:
	function f_IMS_MOCallSetup_NR5GC_A_4_1_Step6_7(IMS_InviteRequestWithSdp_Type p_InviteRequestWithSdp,
                                                 charstring p_ContactUri := px_IMS_CalleeContactUri,
                                                 boolean p_GeolocationInfoAvailable := false,
                                                 IMS_CallType_Type p_CallType := NORMAL_CALL,
                                                 IMS_SDP_AudioCodec_Type p_AudioCodec := EVS_16000,
                                                 IMS_PreconditionIndication_Type p_PreconditionIndication := PreconditionRequired) runs on IMS_PTC return SDP_Message
  {
    var SipUrl v_ContactUrl := valueof(f_SIP_BuildSipUri_TX(p_ContactUri));     /* Contact address of the SS as assigned to the UE e.g. in the 183 Session Progress
                                                                                 * NOTE 1: in other cases the SipUrl is taken from the 183 Session Progress as sent to the UE (f_MessageHeader_GetContactSipUrl)
                                                                                 *         => it is the exact value but not a template
                                                                                 * NOTE 2: in general px_IMS_CalleeContactUri is used in the 183 Session Progress (i.e. we don't need to hand it over as parameter) */
    var template (present) SDP_Message v_SdpOffer := f_IMS_BuildSDP_UpdatedOfferAudio_RX(p_InviteRequestWithSdp.SdpOffer, -, p_AudioCodec);
//REMOVED v_SdpOffer.media_list[0].attributes := f_SDP_Attributes_Add_RX(v_SdpOffer.media_list[0].attributes, cs_SDP_Attribute_sendrecv);  
    return f_IMS_MOCallSetup_ReceiveUpdateSend200OK(p_InviteRequestWithSdp.Invite, v_ContactUrl, v_SdpOffer, p_GeolocationInfoAvailable, p_CallType, p_PreconditionIndication);
  }



