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	Reason for change:
	Details of the 200 OK message from the UE/SS in different situations need to be corrected:
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5.5.2.17.1
SIP 200 (OK)

5.5.2.17.1.1
SIP 200 (OK) from the UE

Table 5.5.2.17.1.1-1: SIP 200 (OK) from the UE

	Derivation Path: RFC 3261 [22]

	Information Element
	Value/remark
	Comment
	Reference
	Condition

	Status-Line
	
	
	
	

	  SIP-Version 
	"SIP/2.0"
	
	
	

	  Status-Code 
	"200"
	
	
	

	  Reason-Phrase
	"OK"
	
	
	

	Via
	same as received in the request
	

	RFC 3261 [22]

RFC 3581 [55]
	

	
	
	
	
	

	
	
	
	
	

	
	
	
	
	

	
	
	

	

	

	
	
	
	
	

	
	
	
	
	

	
	
	
	
	

	Record-Route
	
	
	RFC 3261 [22]
	INVITE-RSP

	  rec-route
	same as received in the request 
	
	
	

	From
	
	
	
	

	  addr-spec
	Same value as received in the request
	
	
	

	  tag
	same value as received in the request
	
	
	

	To
	
	
	
	

	  addr-spec
	same value as received in the request
	
	
	

	  tag
	same value as received in the request or any value  if missing in the request. 
	
	
	

	
	
	
	
	

	
	
	
	
	

	Contact
	
	
	
	INVITE-RSP

	
	
	
	
	

	    user-info and host


	IP address or FQDN (px_MCPTT_Client_A_URI)
	Editor’s note: PIXIT to be checked
	
	

	    port
	protected server port of UE
	as assigned during registration
	
	

	  feature-param
	"+g.3gpp.mcptt"
	
	
	

	  feature-param
	"+g.3gpp.icsi-ref= urn:urn- 7:3gpp-service.ims.icsi.mcptt"
	
	
	

	  feature-param
	"isfocus"
	
	
	

	  feature-param
	"audio"
	
	
	

	Call-ID
	
	
	
	

	  callid
	same value as received in the request
	
	
	

	CSeq
	
	
	
	

	  value
	same value as received in the request
	
	
	

	Require 
	
	
	
	INVITE-RSP

	  option-tag
	"timer"
	
	
	

	Session-Expires
	
	
	
	INVITE-RSP

	  delta-seconds
	"3600"
	
	
	

	  refresher
	"uac"
	
	
	

	Supported
	
	
	
	INVITE-RSP

	  option-tag
	"tdialog"
	
	
	

	  option-tag
	"norefersub"
	
	
	

	  option-tag
	"explicitsub"
	
	
	

	  option-tag
	"nosub"
	
	
	

	Content-Type
	
	
	RFC 5621 [58]
	INVITE-RSP

	  value
	"multipart/mixed"
	
	
	

	Content-Length
	present in case of TCP and when there is a message body (otherwise optional)
	
	RFC 3261 [22]
	

	  value
	any value
	length of message-body
	
	

	Message-body
	
	
	RFC 3261 [22]
	INVITE-RSP

	  MIME body part
	
	
	
	

	    MIME-part-header
	
	
	
	

	      MIME-Content-Type
	"application/sdp"
	
	RFC 4566 [27]
	

	    MIME-part-body
	SDP message as described in Table 5.5.3.1.1-1
	
	
	

	  MIME body part
	
	
	
	

	    MIME-part-header
	
	
	
	

	      MIME-Content-Type
	"application/vnd.3gpp.mcptt-info+xml"
	
	TS 24.379 [9] clause F.1
	

	    MIME-part-body
	MCPTT-Info as described in Table 5.5.3.2.1-1
	
	
	


	Condition
	Explanation 

	INVITE-RSP
	200 OK is the response to the SIP INVITE 


5.5.2.17.1.2
SIP 200 (OK) from the SS

Table 5.5.2.17.1.2-1: SIP 200 (OK) from the SS

	Derivation Path: RFC 3261 [22]

	Information Element
	Value/remark
	Comment
	Reference
	Condition

	Status-Line
	
	
	
	

	  SIP-Version 
	"SIP/2.0"
	
	
	

	  Status-Code 
	"200"
	
	
	

	  Reason-Phrase
	"OK"
	
	
	

	Via
	same as received in the request
	

	RFC 3261 [22]

RFC 3581 [55]
	

	
	
	
	
	

	
	
	
	
	

	
	
	
	
	

	Record-Route
	
	
	RFC 3261 [22]
	INVITE-RSP

	  addr-spec[1]
	SIP URI
	
	
	

	    user-info and host
	pcscf.other.com
	
	
	

	    port
	not present
	
	
	

	    uri-parameters
	"lr"
	
	
	

	  addr-spec[2]
	SIP URI
	
	
	

	    user-info and host
	scscf.other.com
	
	
	

	    port
	not present
	
	
	

	    uri-parameters
	"lr"
	
	
	

	  addr-spec[3]
	SIP URI
	
	
	

	    user-info and host
	orig@scscf.3gpp.org
	
	
	

	    port
	not present
	
	
	

	    uri-parameters
	"lr"
	
	
	

	  addr-spec[4]
	SIP URI
	
	
	

	    user-info and host
	same address as sent by the UE in the first entry of the Route header of the INVITE
	P-CSCF address
	
	

	    port
	not present
	
	
	

	    uri-parameters
	"lr"
	
	
	

	
	
	
	
	

	From
	
	
	
	

	  addr-spec
	same value as in the request
	
	
	

	  tag
	same value as in the request
	
	
	

	To
	
	
	
	

	  addr-spec
	same value as in the request
	
	
	

	  tag
	same value as in the request or To-tag assigned by the SS if missing in the request
	
	
	

	
	
	
	
	

	
	
	
	
	

	Contact
	
	
	
	REGISTER-RSP

	  addr-spec 
	same value as received in the REGISTER
	
	
	

	  feature-param
	"+g.3gpp.mcptt"
	
	
	

	  expires
	"600000"
	
	
	

	
	
	
	
	

	
	
	
	
	

	Contact
	
	
	
	SUBSCRIBE-RSP,
PUBLISH-RSP

	  addr-spec 
	
	
	
	

	    user-info and host
	px_MCPTT_Server_A_URI
	
	
	

	    port
	not present
	
	
	

	Contact
	
	
	
	INVITE-RSP

	  addr-spec 
	
	
	
	

	    user-info and host
	px_MCPTT_Client_B_ID
	Callee contact Uri

Editor’s note: use of PIXIT to be checked (px_CalleeContactUri)
	
	

	    port
	not present
	
	
	

	  feature-param
	“audio”
	
	
	

	Call-ID
	
	
	
	

	  callid
	same value as received in the request
	
	
	

	CSeq
	
	
	
	

	  value
	same value as received in the request
	
	
	

	Require 
	
	
	
	INVITE-RSP

	  option-tag
	"timer"
	
	
	

	Session-Expires
	
	
	
	INVITE-RSP

	  generic-param
	"3600"
	
	
	

	  refresher
	"uac"
	
	
	

	Supported
	
	
	
	INVITE-RSP

	  option-tag
	"tdialog"
	
	
	

	  option-tag
	"norefersub"
	
	
	

	  option-tag
	"explicitsub"
	
	
	

	  option-tag
	"nosub"
	
	
	

	
	
	
	
	

	
	
	
	
	

	Service-Route
	
	
	RFC 3261 [22]
	REGISTER-RSP

	  addr-spec[1]
	SIP URI
	
	
	

	    host
	scscf.3gpp.org
	
	
	

	    port
	not present
	
	
	

	    uri-parameters
	"lr"
	
	
	

	Content-Type
	
	
	RFC 5621 [58]
	INVITE-RSP

	  media-type
	"multipart/mixed"
	
	
	

	Content-Length
	
	
	RFC 3261 [22]
	

	  value
	length of message-body 
	
	
	

	 Message-body
	
	
	RFC 3261 [22]
	INVITE-RSP

	  MIME body part
	
	
	
	

	    MIME-part-header
	
	
	
	

	      Content-Type
	"application/sdp"
	
	RFC 4566 [27]
	

	    MIME-part-body
	SDP message as described in Table 5.5.3.1.1-1
	
	
	

	  MIME body part
	
	
	
	

	    MIME-part-header
	
	
	
	

	      Content-Type
	"application/vnd.3gpp.mcptt-info+xml"
	
	TS 24.379 [9] clause F.1
	

	    MIME-part-body
	MCPTT-Info as described inTable 5.5.3.2.1-1
	
	
	


	Condition
	Explanation 

	REGISTER-RSP
	200 OK is the response to a SIP REGISTER 

	INVITE-RSP
	200 OK is the response to a SIP INVITE 

	SUBSCRIBE-RSP
	200 OK is the response to a SIP SUBSCRIBE

	PUBLISH-RSP
	200 OK is the response to a SIP PUBLISH


