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We would like to inform you that ITU-T SG11 is updating the existing Recommendation ITU-T Q.1912.5 “Interworking between Session Initiation Protocol (SIP) and Bearer Independent Call Control protocol or ISDN User Part”. 
The next meeting of SG11 will be held in Geneva from 27 June to 6 July 2016. Attached is the last current draft of the new Q.1912.5 for information and for comments.
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