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1
Introduction
Document S2-073488 proposes to include in TR 23.892, calls flows that would enable and ICS UE to select (based on operator policy) the terminating domain for ICS centralised sessions. This document presents the proposed call flow in the case of I1ps.
2
Proposal
<<<<First text change>>>>

6.15.1
Access Domain Selection (ADS)

6.15.1.1
ADS for terminating sessions (TADS)

When TADS-IMS selects the IMS access (e.g., selected I1-ps or just using IP-CAN) to deliver the termination session, the TADS in the UE can indicate to the TADS-IMS whether voice session should be delivered via CS access and whether I1-ps or I1-cs should be used for continuing the session setup.

The following figure depicts the relationship between TADS-IMS and TADS in UE.
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Figure 6.15.1.1-1: Relationship between TADS-IMS and TADS in UE

6.15.1.2
UE based ADS information flows
6.15.1.2.x
UE based ADS using I1-ps
Figure 6.x.x shows an example message flow between for UE based TADS for a terminating session where the access network is capable of simultaneous PS and CS operation.
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Figure 6.x.x. UE based TADS using I1-ps 

1. An incoming SIP INVITE is received at the S-CSCF of the B party with an Offer containing SDP from the A-party.

2. The S-CSCF forwards the INVITE to the ICCF.

3. The ICCF sends a 183 Session Progress back to the S-CSCF.

4. The S-CSCF sends the 183 Session Progress to the A-party.

5. The ICCF (acting as a B2BUA) establishes a session over I1-ps by sending an INVITE to the B-party. The INVITE contains a dynamic RUA PSI DN to enable the ICCF to later on correlate the outgoing session control signalling with the incoming bearer control signalling.

6. UE-B responds with a 183 Session Progress. This 183 progress message will contain an indication to the ICCF that a CS bearer is required for the media transport, so that the ICCF will expect the subsequent CS bearer establishment by the UE.
7-29  UE-B establishes CS bearer towards ICCF as from step 8 in section 6.5.2.2.2
<<<<End of first text change>>>>
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