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1. Introduction
During last SA2 #49 meeting, a new TR document was agreed to be created and it’s objective is to study how to handle terminate real-time sessions and calls, taking into account different domains (CS, IMS) and different UE capabilities (CSI, IMS VoIP, etc...).
This contribution discusses some architectural requirement for this new TR document.
2. Discussion 

According to the new TR document’s objective, the architecture should support CSI UEs interworking with VoIP UEs, and prefer selecting CS domain to terminate the real-time sessions.
For the VoIP UE calls CSI UE scenario, It should be possible for the terminate side to split one session (contains both real-time media request and non real-time media request) into two separate sessions.  

For the VoIP UE calls CSI UE scenario, It should be possible for terminate side to get some information, and bases on these information, the terminate side can make the decision to split sessions, and decide selecting CS domain or PS domain to terminate the different sessions. These information may include, for example, 
-- Registration status (CS attached; IMS registered (for multimedia telephony), or both);

--The IP-CAN capabilities 
-- Service/subscription/operator preferences.

--The CSI UE’s capabilities, for example, the CS part supporting video call capability 

-- The current session’s feature information, for example, the current session contains or does not contain real-time media request  
-- The user’s current call state information in both CS domain and IMS domain

For CSI UE calls VoIP UE scenario, it should be possible for the VoIP user to get the service experience that the real-time call and non-real-time session from the same CSI UE are presented within one context. 
3. Conclusion: 
The proposed text is as following:
Proposed change:
4
Architectural requirement

Editor’s note: This section describes the issues and related architectural requirements which need to be studied in this document.
--It should be possible for the CSI UE side to split one multi-component session from VoIP side into two separate sessions. 
--It should be possible for CSI UE side to select CS domain to convey real-time media packets.

--It should be possible for CSI UE side to select IMS domain to convey non real-time media packets.
--It should be possible for the CSI UE side to establish the CS bearer between CSI UE and IMS core network to convey the real-time media. 

--It should be possible for CSI UE side to to get some necessary information bases which to perform domain selection, the information may include registration status information, IP-CAN capabilities information , Service/subscription/operator preferences information, CSI UE capabilities information, the current session feature information, the user’s current call/session state information 
--It should be possible for the terminate VoIP side to present the real-time sessions and non-real-time session from same CSI UE within one context to the VoIP user.
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