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[bookmark: _Toc327548005][bookmark: _Toc327548205][bookmark: _Toc330993688]NG RILTE has discussed whether and how an originating voice session attempted over PS access, e.g. LTE, shall be re-attempted as a voice call on CS access by the UE when the UE receives a final non-200 response to an originating SIP INVITE request. No clear guidance could be found in 3GPP TS 24.229 other than the one in sections 5.1.3, 5.1.6.8.1 and 5.2.10 which are specific to emergency sessions. The recent 3GPP CR C1-154881 addresses a UE’s re-attempt on CS access but is specifically motivated by weak LTE coverage conditions.
Two drivers are identified for re-attempting a voice call on CS access:
a) Seamless voice service from user perspective, without need for re-dialling or manual selection of another RAT.
b) Providers that do not offer selected network-based services in the PS domain may wish to enforce the voice call in CS domain. E.g. A supplementary service (beyond MMTel / IR.92) is not implemented in the PS/IMS domain but just in the CS domain. Then an operator may wish to enforce a fallback to CS if such service is to be triggered, e.g. based on the dialled number. This is similar to the 380 response used in VoLTE to enforce a fallback of an emergency call onto CS access.
The discussion in NG RILTE revealed that some proprietary implementations of re-attempting a voice call on CS access are deployed already but NG RILTE does see an advantage in aligning networks and UEs, based on 3GPP specifications.
Consideration were also given to a differentiation between temporary and permanent failures in the PS domain, as well as to the origin of the failure within the network. 
Re-Attempting a Voice Call on CS Access based on SIP Response is considered for the cases where the SIP response originates from:
· the network serving the originating user, or
· a network between the network of the served user and the terminating UE, not including the terminating UE itself.
Re-Attempting a Voice Call on CS Access based on SIP Response is not deemed to be useful for the cases where at least one of the following applies:
· the terminating user was alerted already, 
· the SIP response originates from the terminating UE, 
· the originating user is not authorized to use a voice service, 
· the originating network does not support PS voice service, or
· no CS access is available.

ACTION to 3GPP SA2 and CT1:
[bookmark: _GoBack]NG RILTE kindly asks SA2 and CT1 for information whether this topic is already standardized or subject to ongoing studies in 3GPP which may serve as a basis for a later endorsement or profiling by RILTE in GSMA PRD IR.92.
NG RILTE kindly asks CT1 for guidance which SIP response a UE may take as trigger to re-attempt an originating voice call over CS access, given that the user has CS access and is authorized to use it for voice services. 
Next meetings
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