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Introduction
In the session on 14 February, the MiTE SWG agreed on updates of the Multimedia Telephony service description in TR22.973. The next step is to move applicable text in the TR to a first draft of TS22.173. 
As pointed out by some companies, one agreed sentence in sec 4.2 regarding codec/format support could cause misunderstanding and is thus not suitable as TS text. In particular it was noted that if multiple formats are standardized, two terminals could support disjunctive subsets of those formats, thus not providing interoperability which was the objective of introducing the sentence. It was also noted that explicit mentioning of certain codecs and formats is better done in SA4. 

Hence, we propose to clarify the text when inserting it in TS22.173. The update does not change the intention of the previous text. 
Proposal
*************   Start modification ******************
4.2
Default media handling capabilities of Multimedia Telephony 

IP Multimedia Telephony can support many different types of media and the default set of capabilities include the following:

· Full duplex speech

· Real time video (simplex, full duplex), synchronized with speech if present.

· Text communication

· File transfer, 

· Video clip sharing, picture sharing, audio clip sharing. Transferred files may be displayed/replayed on receiving terminal for specified file formats.

To ensure interoperability, at least one format (e.g. codec) shall be mandated per media type. 
The IP Multimedia Telephony service should at least support the following handling of media

· Adding and removing individual media to/from a IP Multimedia Telephony communication
********************  End modification   ********************
