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1. Introduction

This paper has discussion on the SIP-I based Nc interface interaction with the CLIP, CLIR, COLP and COLR services.
2. Discussion

The CLIP and CLIR services has the requirement on the Nc interface to convey the Calling Line Identity and if it is restricted to be presented to the called party. The encapsulated IAM message in the initial INVITE request has been fulfill the requirement.

Additionally, a Privacy Mechanism for SIP protocol is defined in IETF RFC 3323. In use of the mechanism, the originating party could express its privacy requirement in the SIP request. P-Asserted-Identity header is defined in IETF RFC 3325 to convey the ID level privacy requirement and also with the asserted identifier of the originating party which could meet the requirement of CLIP and CLIR. The P-Asserted-Identity and Privacy headers have been adopted by ITU-T Q.1912.5 for the CLIP and CLIR service.
The COLP and COLR services has the requirement on the Nc interface to convey the Connected Line Identity and if it is restricted to be presented to the calling party. The encapsulated ANM/CON message in the 200 OK response to the initial INVITE request has been fulfilled the requirement.

Therefore, the SIP-I based Nc interface has no impact on the COLP and COLR services.
Therefore, the SIP-I based Nc interface has no impact on the CLIP, CLIR, COLP and COLR services and the use of P-Asserted-Identity and Privacy headers should be defined in the stage 3 specification of the SIP-I based CS network.
3. Proposal

It is proposed to update the following text into TS 23.231 v0.2.0.
************** First Change **************
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13.3
Line identification Services

13.3.1
Calling Line Identification Presentation (CLIP)

The procedures specified in clause 6.1.3.6 and clause 7.1.3 of ITU-T Q.1912.5 [xx] shall be applied.
13.3.2
Calling Line Identification Restriction (CLIR)

The procedures specified in clause 6.1.3.6 and clause 7.1.3 of ITU-T Q.1912.5 [xx] shall be applied.
13.3.3
Connected Line Identification Presentation (COLP)

No impact.
13.3.4
Connected Line Identification Restriction (COLR)

No impact.






