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3.2
Abbreviations

For the purposes of the present document, the abbreviations given in 3GPP TR 21.905 [1] and the following apply. An abbreviation defined in the present document takes precedence over the definition of the same abbreviation, if any, in 3GPP TR 21.905 [1].

1xx
A SIP status-code in the range 101 through 199
18x
A SIP status-code in the range 180 through 189
2xx
A SIP status-code in the range 200 through 299
AMR-WB
Adaptive Multi Rate Wideband (codec)
EATF
Emergency Access Transfer Function

E-STN-SR
Emergency Call Session Transfer Number – Single Radio

E-SR-VCC
Emergency Single Radio Voice Call Continuity
EVS
Enhanced Voice Service
C-MSISDN
Correlation MSISDN

IMRN
IP Multimedia Routing Number
SC
Service Continuity

SCC
Service Centralization and Continuity
SM
Session Management
SRVCC
Single Radio Voice Call Continuity
STI
Session Transfer Identifier

STI-rSR
Session Transfer Identifier for reverse SRVCC

STN
Session Transfer Number

STN-SR
Session Transfer Number - Single Radio

vSRVCC
Single Radio Video Call Continuity
***** Next change *****
6A.5
SDP media description conflict between target and remote access leg

When the SCC AS, the EATF or the ATCF receives an SDP offer on the target access leg, the SDP media descriptions on the target access leg and the remote access leg, can be in conflict. The way how the SCC AS, EATF and ATCF resolve the conflict is implementation dependent.

NOTE 1:
Examples of conflicts are when, for a given media type, different IP versions are used on each access leg, or when the same payload type number has been assigned to different codecs on each access leg.

NOTE 2:
An example on how to solve a conflict can be that transcoding functionality is enabled by inserting an MRF (in case of SCC AS or EATF) or an ATGW (in case of ATCF). Another example is that 488 (Not Acceptable Here) response is sent with the correct SDP media description.
NOTE 3:
Since the EVS codec as specified in 3GPP TS 26.441 [x1] supports AMR-WB interoperable modes (AMR-WB IO), transcoding between the EVS codec in IMS and the AMR-WB codec in CS can be avoided by using the EVS codec AMR-WB IO modes in IMS.
When the MSC server receives a SIP 488 (Not Acceptable Here) response to an initial SIP INVITE request and an SDP body is present in the response, the MSC server should re-initiate the initial SIP INVITE request using the part of the received SDP media description that the MSC server supports.
***** End of change *****
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