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***** Next change *****
J.2.1.X
Smart Congestion Mitigation

The following information is provided to the non-access stratum:
-
MO-MMTEL-voice-started;
-
MO-MMTEL-voice-ended.
-
MO-MMTEL-video-started; and
-
MO-MMTEL-video-ended;
Upon request from a user to establish an originating multimedia telephony communication session as described in subclause 5.2, and if the session establishment is continued after performing the Service Specific Access Control as specified in Annex J.2.1.1, the UE shall:
1)
if audio or real-time text or both (see [3x]) are offered in the multimedia telephony communication session, and no other originating multimedia telephony communication session initiated with offer with audio or real-time text or both, exists, send the MO-MMTEL-voice-started indication to the non-access stratum and continue with session establishment as described in subclause 5.2;
2)
if video is offered in the multimedia telephony communication session, and no other originating multimedia telephony communication session initiated with offer with video exists, send the MO-MMTEL-video-started indication to the non-access stratum and continue with session establishment as described in subclause 5.2.
When an originating multimedia telephony communication session ends, the originating multimedia telephony communication session was initiated with offer with audio or real-time text or both, and no other originating multimedia telephony communication session initiated with offer with audio or real-time text or both exists, the UE sends the MO-MMTEL-voice-ended to non-access stratum.

When an originating multimedia telephony communication session ends, the originating multimedia telephony communication session was initiated with offer with video, and no other originating multimedia telephony communication session initiated with offer with video exists, the UE sends the MO-MMTEL-video-ended indication to non-access stratum.

 NOTE:
If the multimedia telephony communication implementation and the non-access stratum protocol implementation are located in separate physical entities, it is expected that the interconnecting protocol supports the transfer of information elements needed for the smart congestion mitigation enforcement.
***** End of changes *****
