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1. Introduction
The W2 interface specification between the UE and the eP-CSCF.
2. Reason for Change
Specify the W2 interface - call procedures.
3. Conclusions

<Conclusion part (optional)>
4. Proposal

It is proposed to agree the following changes to 3GPP TS 24.371.
* * * Next Change * * * *

7
Call origination and termination

7.1
General
This clause specifies procedures that are related to call origination and termination in the IM CN subsystem that are required for support of WebRTC.
It is assumed that prior to the call origination and termination procedure, a WebSockets connection hase been established between the WIC and the eP-CSCF. The call control signalling between the WIC and the eP-CSCF is transport over the WebSockets connection.
The WIC shall support ICE procedures as described in RFC 5245 [x14] with the additions specified in draft-ietf-rtcweb-stun-consent-freshness-03 [x13]. The WIC shall perform ICE procedures when initiated by other subclauses in this document.
7.2
WIC (WebRTC IMS Client)
7.2.1
General

The WIC using Gm shall follow the procedures as described in 3GPP TS 24.229 [3]. For the WIC using Gm, the appropriate signalling protocol is defined in 3GPP TS 24.229 [3].
The WIC using non-Gm SIP shall support RFC 3261 [x11]. For the WIC using non-Gm, the appropriate signalling protocol is defined in RFC 3261 [x11].
The WIC using non-SIP shall support RFC 3264 [x12]. For the WIC using non-SIP, the appropriate signalling protocol is out of scope of this specification.
Editor's note: It needs to be studied how much the documentation of these options can be combined into a single text.
7.2.2
WIC originating call
When the WIC originates a call, the WIC shall: 
a)
perform the ICE procedures as defined in RFC 5245 [x14]; and
b)
generate an SDP offer and send it towards the eP-CSCF using the appropriate signalling protocol as described in subclause 7.2.1.
7.2.3
WIC terminating call
Upon receipt of an SDP offer, the WIC shall:
a)
perform the ICE procedures as defined in RFC 5245 [x14]; and
b)
generate an SDP answer and send it towards the eP-CSCF using the appropriate signalling protocol as described in subclause 7.2.1.
7.3
WWSF (WebRTC Web Server Function)
n/a
7.4
eP-CSCF (P-CSCF enhanced for WebRTC)
7.4.1
General

The eP-CSCF using Gm towards the WIC shall follow the procedures as described in 3GPP TS 24.229 [3]. For the eP-CSCF using Gm, the appropriate signalling protocol is defined in 3GPP TS 24.229 [3].
The eP-CSCF using non-Gm SIP towards the WIC shall support RFC 3261 [x11]. For the eP-CSCF using non-Gm, the appropriate signalling protocol is defined in RFC 3261 [x11].
The eP-CSCF using non-SIP towards the WIC shall support RFC 3264 [x12]. For the eP-CSCF using non-SIP, the appropriate signalling protocol is out of scope of this specification.
Editor's note: It needs to be studied how much the documentation of these options can be combined into a single text.
7.4.2
WIC originating call
Upon receipt of an SDP offer, the eP-CSCF shall:
a)
perform ICE procedures as defined in RFC 5245 [x14]; and
b)
generate an SDP offer based on the SDP offer received from the WIC and forward it using the appropriate signalling protocol as described in subclause 7.4.1.

7.4.3
WIC terminating call
When receipt of an SDP answer, the eP-CSCF shall:
a)
perform ICE procedures as defined in subclause RFC 5245 [x14]; and
b)
generate an SDP answer based on the SDP answer received from the WIC and forward it using the appropriate signalling protocol as described in subclause 7.4.1.
