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1. Introduction
The W2 interface specification between the UE and the eP-CSCF.
2. Reason for Change
Specify the W2 interface – general part.
3. Conclusions

<Conclusion part (optional)>
4. Proposal

It is proposed to agree the following changes to 3GPP TS 24.371.
* * * Next Change * * * *

2
References

The following documents contain provisions which, through reference in this text, constitute provisions of the present document.

· References are either specific (identified by date of publication, edition number, version number, etc.) or non‑specific.

· For a specific reference, subsequent revisions do not apply.

· For a non-specific reference, the latest version applies. In the case of a reference to a 3GPP document (including a GSM document), a non-specific reference implicitly refers to the latest version of that document in the same Release as the present document.

[1]
3GPP TR 21.905: "Vocabulary for 3GPP Specifications".

[2]
IETF RFC 7118: "The WebSocket Protocol as a Transport for the Session Initiation Protocol (SIP)".
[3]
3GPP TS 24.229: "IP multimedia call control protocol based on Session Initiation Protocol (SIP) and Session Description Protocol (SDP); Stage 3".
[x1]
3GPP TS 33.203: "Access security for IP based services".
[x2]
RFC 6750 (October 2012): "The OAuth 2.0 Authorization Framework: Bearer Token Usage".
[x3]
3GPP TS 23.292: "IP Multimedia Subsystem (IMS) Centralized Services; Stage 2".
[x4]
RFC 5009 (September 2007): "Private Header (P-Header) Extension to the Session Initiation Protocol (SIP) for Authorization of Early Media".
[x5]
3GPP TS 23.334: "IMS Application Level Gateway (IMS-ALG) – IMS Access Gateway (IMS-AGW) interface".
[x6]
RFC 4145 (September 2005): "TCP-Based Media Transport in the Session Description Protocol (SDP)".
[x7]
RFC 4572 (July 2006): "Connection-Oriented Media Transport over the Transport Layer Security (TLS) Protocol in the Session Description Protocol (SDP)".
[x8]
draft-ietf-rtcweb-data-channel-08 (April 2014): "WebRTC Data Channels".
Editor's note: The above document cannot be formally referenced until it is published as an RFC.
[x9]
draft-ietf-rtcweb-data-protocol-05 (May 2014): "WebRTC Data Channel Establishment Protocol".
Editor's note: The above document cannot be formally referenced until it is published as an RFC.
[x10]
draft-ietf-mmusic-sctp-sdp-06 (February 2014): "Stream Control Transmission Protocol (SCTP)-Based Media Transport in the Session Description Protocol (SDP)".
Editor's note: The above document cannot be formally referenced until it is published as an RFC.
[x11]
RFC 3261 (June 2002): "SIP: Session Initiation Protocol".

[x12]
RFC 3264 (June 2002): "An Offer/Answer Model with the Session Description Protocol (SDP)".
[x13]
draft-ietf-rtcweb-stun-consent-freshness-03 (May 2014): "STUN Usage for Consent Freshness".
Editor's note: The above document cannot be formally referenced until it is published as an RFC.
[x14]
RFC 5245 (April 2010): "Interactive Connectivity Establishment (ICE): A Protocol for Network Address Translator (NAT) Traversal for Offer/Answer Protocols".
[x15]
3GPP TS 23.228: "IP Multimedia Subsystem (IMS); Stage 2".
* * * Next Change * * * *

5
Functional entities

5.2
WIC (WebRTC IMS Client)
A WebRTC IMS Client (WIC) establishing the service control signalling path over W2 interface, that is compliant with this specification shall implement the role of WIC capabilities defined in subclause 6.2, subclause 7.2 and subclause 8.2.

5.3
WWSF (WebRTC Web Server Function)
The WebRTC Web Server Function (WWSF) is the initial point of contact in the Web that controls access to the IMS communications services for the WIC as specified in 3GPP TS 23.228 [x15].
