
3GPP TSG CT WG1 Meeting #86bis
C1-141477
Dubrovnik, Croatia, 31 March - 4 April 2014
Source:
Huawei, China Mobile
Title:
Web Real Time Communication (WebRTC) Access to IMS: specification scope
Spec:
3GPP TS 24.371 V0.0.0
Agenda item:
12.27
Document for:
Agreement
1. Introduction
Scope for the newly created specification dedicated to WebRTC access to IMS.
2. Reason for Change
Scope for the newly created specification dedicated to WebRTC access to IMS.
3. Conclusions

N/A
4. Proposal

It is proposed to agree the following changes to 3GPP TS 24.371 V0.0.0.
* * * First Change * * * *

1
Scope

The present document provides the details for allowing WebRTC clients to access IMS.
SIP over WebSocket as specified in RFC 7118 [X1], is used as the information model that may be used by other options. This document describes WebRTC specific use of SIP and SDP as specified in 3GPP TS 24.229 [X2].
The present document is applicable to WebRTC client and eP-CSCF.
* * * End of Change * * * *

