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1 . Introduction

TS 24.237 supports several transfer scenarios based on UE and Network capabilities, including “Active+Held”, “Active+Alerting”, etc. 
This paper discuss the 
2. Signalling flows of announcement 

Following is an example of signalling flows of playing announcement in held session.  
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3. Problem in SRVCC transfer scenarios
See TS 24.237 A.15.3 “PS to CS access transfer with MSC server assisted mid-call feature”:
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· In step 34, to perform remote leg update, the SCC AS sends a SIP re-INVITE request to the remote UE-C. The SIP re-INVITE request contains the SDP offer that is identical to the SDP offer that the SCC AS received in the initial SIP INVITE request from the UE A.
· Since the SCC-AS is a first AS in originating side, the SIP re-INVITE will be routed to the MMTel AS A, and then to remote UE-C.
· The remote UE-C receives the media from the port contained in the SIP re-INVITE request. If there was an announcement for the held session played to the UE-C, it will be stopped by the SIP re-INVITE request. The User C may think the session fails. 
· If eSRVCC procedure is used, the SCC AS will not send the SIP re-INVITE request to the remote side. However in case that session traverses IBCF (see TS 24.237 A.18.6), the SCC AS also needs to send the SIP re-INVITE request to the remote side. 
The problem exists in following transfer scenarios:
· Held
· Active + Held

· Alerting (Originating/Terminating)

· Active+ Alerting

· Pre-Alerting (Originating)

· Active+ Pre-Alerting
4. Proposed Solution
· 
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· In step2，the SCC AS A inserts a Session Transfer identify into the SIP re-INVITE request, e.g. including a Session Transfer feature tag in P-Asserted-Services header field.

· Upon receiving a SIP re-INVITE request with Session Transfer identify, the TAS A responds with a SIP 200 OK response instead of forwarding the request. And the announcement is kept playing to the UE-B. 
· When the status of UE-A is changed, e.g. to resume the session Held->Active), to answer the session(alerting->Active), the TAS sends SIP re-INVITE(or UPDATE) request to the remote UE to update the media.
Huawei would submit related CRs if CT1 agrees it as a way forward.
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