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	Reason for change:
(
	GSMA RILTE work group:

- has developed the GSMA PRD IR.92 - a profile for IMS Voice, Supplementary Services and SMS over IMS sent over LTE. The profile also includes support of real time text (ITU-T Recommendation T.140).
- is developing the GSMA PRD IR.94 - a profile for IMS Profile for Conversational Video Service over LTE.

The IR.92 profile aims to:
· outline the least common denominator set of features for vendors to implement to secure interoperability for a basic voice service. 

· be forward compatible in that sense that the features being part of 3GPP Multimedia Telephony (and other) specifications not mentioned in the profile can be implemented in the UEs and the network and work together with the minimum set.

The minimum requirement for voice transfer in IR.92 includes:

· no use of RTCP-APP based adaptation,

· RTCP bandwidth is negotiated to be 0 kbps (unless on hold and unless used with other media),

· AVP used as the RTP transport format.

The IR.94 profile:

· is based on IR.92 profile;

· adds video service on top of the basic audio service of IR.92

· is forward compatible in that sense that the features being part of 3GPP Multimedia Telephony (and other) specifications not mentioned in the profile can be implemented in the UEs and the network and work together with the minimum set.

The minimum requirement for video transfer in IR.94 includes:

· AVPF used as the RTP transport format

Hence:

- neither IR.92 profile nor IR.94 profile require SDPCapNeg. 
- if IR.92 profile is used on its own, there is no need to implement AVPF. 

26.114 Rel-7 and Rel-8 has already been aligned with IR.92 (SP-100017) and updates for IR.94 are under discussion in SA4. However, 24.229 still requires support of AVPF and SDPCapNeg.
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	The status of SDPCapNeg is changed from mandatory to optional. 

The status of AVPF is changed from mandatory to optional for UE supporting speech + real time text only. 
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	Clauses affected:
(
	A.3.2.1

	
	

	
	Y
	N
	
	

	Other specs
(
	
	X
	 Other core specifications
(
	TS/TR ... CR ... 

	affected:
	
	x
	 Test specifications
	TS/TR ... CR ... 

	(show related CRs)
	
	X
	 O&M Specifications
	TS/TR ... CR ... 

	
	

	Other comments:
(
	


****************** change 1 ******************

A.3.2.1
Major capabilities

Table A.317: Major capabilities

	Item
	Does the implementation support
	Reference
	RFC status
	Profile status

	
	Capabilities within main protocol
	
	
	

	x
	video?
	[8H]
	n/a
	o

	
	
	
	
	

	
	Extensions
	
	
	

	22
	integration of resource management and SIP?
	[30] [64]
	o
	c14

	23
	grouping of media lines?
	[53]
	c3
	c3

	24
	mapping of media streams to resource reservation flows?
	[54]
	o
	c1

	25
	SDP bandwidth modifiers for RTCP bandwidth?
	[56]
	o
	o (NOTE 1)

	26
	TCP-based media transport in the session description protocol?
	[83]
	o
	c2

	27
	interactive connectivity establishment?
	[99]
	o
	c4

	28
	session description protocol format for binary floor control protocol streams?
	[108]
	o
	o

	29
	extended RTP profile for real-time transport control protocol (RTCP)-based feedback (RTP/AVPF)?
	[135]
	o
	c5

	30
	SDP capability negotiation?
	[137]
	o
	c6

	31
	Session Description Protocol (SDP) extension for setting up audio media streams over circuit-switched bearers in the Public Switched Telephone Network (PSTN)?
	[155]
	o
	c7

	32
	miscellaneous capabilities negotiation in the Session Description Protocol (SDP)?
	[156]
	o
	c7

	33
	transport independent bandwidth modifier for the Session Description Protocol?
	[152]
	o
	c8

	34
	Secure Real-time Transport Protocol (SRTP)
	[169]
	o
	c15

	35
	MIKEY-TICKET
	[170]
	o
	c10

	36
	SDES
	[168]
	o
	c9

	37
	end-to-access-edge media security using SDES?
	7.5.2
	o
	c16

	38
	SDP media capabilities negotiation?
	[172]
	o
	c12

	39
	Transcoding Services Invocation in the Session Initiation Protocol (SIP) Using Third Party Call Control (3pcc)
	[166]
	o
	c13

	40
	Message Session Relay Protocol?
	[178]
	o
	c17

	41
	a SDP offer/answer mechanism to enable file transfer?
	[185]
	o
	o

	42
	optimal media routeing
	[11D]
	n/a
	c18

	43
	ECN for RTP over UDP
	[188]
	o
	c19

	c1:
IF A.3/1 THEN m ELSE n/a - - UE role.

c2:
IF A.3/1 OR A.3/6 OR A.3/7 THEN o ELSE n/a - - UE, MGCF, AS. 

c3:
IF A.317/24 THEN m ELSE o - - mapping of media streams to resource reservation flows.

c4:
IF A.3/9B THEN m ELSE IF A.3/1 OR A.3/6 THEN o ELSE n/a - - IBCF, UE, MGCF.

c5:
IF (A.3A/50 AND A.317/x) OR A.3A/50A OR A.3/6 OR A.3/9B OR A.3A/89 THEN m ELSE o - - multimedia telephony service participant, video, multimedia telephony service application server, MGCF, IBCF, ATCF (UA).

c6:
IF A.3A/50A OR A.3/6 OR A.3/9B OR A.3A/89 THEN m ELSE o - - multimedia telephony service application server, MGCF, IBCF, ATCF (UA).

c7: 
IF A.3A/82 OR A.3A/83 THEN m ELSE o - - ICS user agent, SCC application server.

c8:
IF A.317/25 AND (A.3/1 OR A.3/6 OR A.3A/89) THEN o ELSE n/a - - SDP bandwidth modifiers for RTCP bandwidth, UE, MGCF, ATCF (UA).

c9:
IF A.3D/301 OR A.3D/2A 20 THEN o m ELSE n/a - - end-to-access-edge media security using SDES, end-to-end media security using SDES.

c10:
IF A.3D/21 THEN m ELSE n/a - - end-to-end media security using KMS.

c12:
IF A.3A/82 OR A.3A/83 THEN m ELSE o - - ICS user agent, SCC application server.

c13: 
IF IF A.3/7D OR A.3/8 THEN o else n/a - - AS performing 3rd party call control or MRFC.

c14:
IF A.4/2C THEN m ELSE o - - initiating a session which require local and/or remote resource reservation.

c15
IF A.3D/20 OR A.3D/21 OR A.3D/30 THEN m ELSE n/a - - end-to-end media security using SDES, end-to-end media security using KMS, end-to-access-edge media security using SDES.

c16
If A.3D/30 THEN m ELSE n/a - - end-to-access-edge media security using SDES.

c17:
IF A.3A/33B OR A.3A/34 THEN m ELSE IF A.3A/8 OR A.3A/9 THEN o ELSE n/a - - session-mode messaging participant, session-mode messaging intermediate node, IBCF, MRFC.

c18:
IF A.3/2A OR A.3/6 A.3/7OR A.3/9B OR A.3A/89 then o ELSE n/a - - P-CSCF (IMS-ALG), MGCF, AS, IBCF (IMS-ALG), ATCF (UA).

c19:
IF A.3/2A OR A.3/6 OR A.3/8 OR A.3/9B OR A.3A/81 OR A.3A/89 THEN o ELSE n/a - - P-CSCF (IMS-ALG), MGCF, MRFC, IBCF (IMS-ALG), MSC Server enhanced for ICS, ATCF (UA).

	NOTE 1:
For "video" and "audio" media types that utilise RTP/RTCP, if the RTCP bandwidth level for the session is different than the default RTCP bandwidth as specified in RFC 3556 [56], then, it shall be specified. For other media types, it may be specified.


