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[147]
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draft-garcia-mmusic-sdp-misc-cap-00 (October 2008): "Miscellaneous Capabilities Negotiation in the Session Description Protocol (SDP)".
Editor's note: The above document cannot be formally referenced until it is published as an RFC.
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[158]
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Void.
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[165]
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[166]
RFC 4117 (June 2005): "Transcoding Services Invocation in the Session Initiation Protocol (SIP) using Third Party Call Control (3pcc)".

[167]
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[169]
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[170]
draft-nn-mikey-ticket-00 (March 2010): "MIKEY-TICKET: An Additional Mode of Key Distribution in Multimedia Internet KEYing (MIKEY)".
Editor's note: The above document cannot be formally referenced until it is published as an RFC.
[171]
RFC 4235 (November 2005): "An INVITE-Initiated Dialog Event Package for the Session Initiation Protocol (SIP)".
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draft-ietf-mmusic-sdp-media-capabilities-08 (July 2009): "SDP media capabilities Negotiation".
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[173]
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Editor's note: The above document cannot be formally referenced until it is published as an RFC.

[176]
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[185]
RFC 5547 (May 2009): "A Session Description Protocol (SDP) Offer/Answer Mechanism to Enable File Transfer".
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