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Abstract

This contribution summarises the current SIPCORE documentation within IETF. This contribution represents those IETF RFCs and drafts that have been allocated to the SIPCORE working group. The charter is at http://www.ietf.org/html.charters/sipcore-charter.html.

1
Introduction

Sections highlighed in YELLOW indicate documents that are currently required by 3GPP to complete Release 5. Sections highlighed in BLUE indicate documents that are currently required by 3GPP to complete Release 6. Sections highlighed in GREEN indicate documents that are currently required by 3GPP to complete Release 7. Sections highlighed in MAGENTA indicate documents that are currently required by 3GPP to complete Release 8.
2
Completed request for comments

Each distinct version of an Internet standards-related specification is published as part of the "Request for Comments" (RFC) document series. This archival series is the official publication channel for Internet standards documents and other publications of the IESG, IAB, and Internet community. 

Some RFCs document Internet Standards.  These RFCs form the 'STD' subseries of the RFC series [4].  When a specification has been adopted as an Internet Standard, it is given the additional label "STDxxx", but it keeps its RFC number and its place in the RFC series.

Note that certain standards bodies insist that an RFC must be an Internet Standard before it can be referenced in a published standard.

2.1
An Extension to Session Initiation Protocol (SIP) Events for Conditional Event Notification

Contained in: http://www.ietf.org/internet-drafts/draft-ietf-sipcore-subnot-etags-03.txt
Expires: May 2010
The Session Initiation Protocol (SIP) events framework enables receiving asynchronous notification of various events from other SIP user agents.  This framework defines the procedures for creating, refreshing and terminating subscriptions, as well as fetching and periodic polling of resource state.  These procedures have a serious deficiency in that they provide no tools to avoid replaying event notifications that have already been received by a user agent.  This memo defines an extension to SIP events that allows the subscriber to condition the subscription request to whether the state has changed since the previous notification was received.  When such a condition is true, either the body of a resulting event notification or the entire notification message is suppressed.
WGLC initiated in SIP 4th September 2007 to complete 18th September 2007. Publication requested 26th May 2009 on -02 version as proposed standard. IETF last call initiated 9th June 2009 on -02 version as proposed standard to complete 23rd June 2009. IESG approved -04 version as proposed standard on 27th January 2010. Currently in state: In RFC Editor's Queue waiting on reference to draft-ietf-simple-xcap-diff.
3
Internet drafts identified as work items by the working group or as chartered items

Editor’s note: During the run up to an IETF meeting, there may be a delay between the submission of an internet draft, and the formal posting of the internet draft. I have adopted the policy of identifying only those versions that have been officially posted, although this may delay inclusion in this document by a few days.

During the development of a specification, draft versions of the document are made available for informal review and comment by placing them in the IETF's "Internet-Drafts" directory, which is replicated on a number of Internet hosts.  This makes an evolving working document readily available to a wide audience, facilitating the process of review and revision.

An Internet-Draft that is published as an RFC, or that has remained unchanged in the Internet-Drafts directory for more than six months without being recommended by the IESG for publication as an RFC, is simply removed from the Internet-Drafts directory.  At any time, an Internet-Draft may be replaced by a more recent version of the same specification, restarting the six-month timeout period.

An Internet-Draft is NOT a means of "publishing" a specification; specifications are published through the RFC mechanism described in the previous section.  Internet-Drafts have no formal status, and are subject to change or removal at any time.

Under no circumstances should an Internet-Draft be referenced by any paper, report, or Request-for-Proposal, nor should a vendor claim compliance with an Internet-Draft.

Note: It is acceptable to reference a standards-track specification that may reasonably be expected to be published as an RFC using the phrase "Work in Progress"  without referencing an Internet-Draft. This may also be done in a standards track document itself  as long as the specification in which the reference is made would stand as a complete and understandable document with or without the reference to the "Work in Progress".

3.1
Session Initiation Protocol (SIP) Event Notification Extension for Notification Rate Control
Contained in: http://www.ietf.org/internet-drafts/draft-ietf-sipcore-event-rate-control-03.txt
Expires: August 2010
This document specifies mechanisms for adjusting the rate of Session Initiation Protocol (SIP) event notifications. These mechanisms can be applied in subscriptions to all SIP event packages.
WGLC initiated 4th February 2010 to complete 21st February 2010 on -02 version. Publication requested 12th May 2010 on -03 version as proposed standard. Currently in state: Publication Requested.
3.2
Indication of support for keep-alive
Contained in: http://www.ietf.org/internet-drafts/draft-ietf-sipcore-keep-02.txt
Expires: October 2010
This specification defines a new Session Initiation Protocol (SIP) header field parameter, "keep", that SIP entities can use to negotiate explicit support of the NAT keep-alive mechanisms defined in the SIP Outbound specification.  The parameter is defined for cases where the SIP Outbound mechanism is not supported, or in cases where it cannot be applied.
3.3
Example call flows using Session Initiation Protocol (SIP) security mechanisms
Contained in: http://www.ietf.org/internet-drafts/draft-ietf-sipcore-sec-flows-02.txt
Expires: July 2010
This document shows example call flows demonstrating the use of Transport Layer Security (TLS), and Secure/Multipurpose Internet Mail Extensions (S/MIME) in Session Initiation Protocol (SIP).  It also provides information that helps implementers build interoperable SIP software.  To help facilitate interoperability testing, it includes certificates used in the example call flows and processes to create certificates for testing.

3.4
Response Code for Indication of Terminated Dialog

Contained in: http://www.ietf.org/internet-drafts/draft-ietf-sipcore-199-02.txt
Expires: June 2010
This specification defines a new SIP response code, 199 Early Dialog Terminated, which a SIP forking proxy and a UAS can use to indicate upstream towards the UAC that an early dialog has been terminated, before a final response is sent towards the UAC.

WGLC initiated in SIP WG 4th November 2008 to complete 18th November 2008 on -02 version as proposed standard. Currently in state: IESG Evaluation:: Revised ID Needed.
3.5
Scaling Requirements for Presence in SIP/SIMPLE

Contained in: http://www.ietf.org/internet-drafts/draft-ietf-sipcore-presence-scaling-requirements-02.txt
Expires: March 2010
The document lists requirements for optimizations of SIP/SIMPLE.

These optimizations should reduce the load on the network and the presence servers due to inter-domain presence subscriptions.  The need for the requirements is based on a separate document that provides scaling analysis for inter-domain presence over SIP/SIMPLE.
WGLC initiated 13th August 2008 to complete 3rd August 2008 in SIPPING group. Publication requested 24th June 2009 on -00 version as Informational. IETF last call issued 14th August 2009 to complete 28th August 2009 on -01 version as informational. Currently in state: IESG Evaluation:: AD followup.

3.6
Location Conveyance for the Session Initiation Protocol

Contained in: http://www.ietf.org/internet-drafts/draft-ietf-sipcore-location-conveyance-02.txt
Expires: August 2010

This document defines an extension to the Session Initiation Protocol (SIP) to convey geographic location information from one SIP entity to another SIP entity.  The extension covers end-to-end conveyance as well as location-based routing, where SIP servers make routing decisions based on the location of the user agent client.

In SIP, WG WGLC initiated 4th March 2007 to complete 2nd April 2007. In SIP WG, WGLC also issued in GEOPRIV WG. WGLC initiated 16th March 2009 to complete 23rd March 2009. WGLC initiated 20th July 2009 to complete 7th August 2009 on -01 version as proposed standard.
3.7
Session Initiation Protocol (SIP) INFO Method and Package Framework

Contained in: http://www.ietf.org/internet-drafts/draft-ietf-sipcore-info-events-07.txt
Expires: August 2010

This document defines a new method, INFO, for the Session Initiation Protocol (SIP) [RFC3261], and an Info Package mechanism.  The document obsoletes [RFC2976].  For backward compatibility the document also specifies a "legacy" mode of usage of the INFO method that is compatible with the usage previously defined in [RFC2976], referred to as "legacy INFO Usage" in this document.
In SIP WG, WGLC initiated 16th February 2009 to complete 4th March 2009 on -03 version. WGLC initiated 13th October 2009 to complete 27th October 2009 on -10 version. Publication requested 23rd February 2010 on -07 version as proposed standard. Currently in state: IESG Evaluation:: Revised ID Needed.
3.8
SIP-Specific Event Notification

Contained in: http://www.ietf.org/internet-drafts/draft-ietf-sipcore-rfc3265bis-01.txt
Expires: August 2010

This document describes an extension to the Session Initiation Protocol (SIP).  The purpose of this extension is to provide an extensible framework by which SIP nodes can request notification from remote nodes indicating that certain events have occurred.

Note that the event notification mechanisms defined herein are NOT intended to be a general-purpose infrastructure for all classes of event subscription and notification.

3.9
Correct transaction handling for 200 responses to Session Initiation Protocol INVITE requests

Contained in: http://www.ietf.org/internet-drafts/draft-ietf-sipcore-invfix-01.txt
Expires: September 2010

This document normatively updates RFC 3261, the Session Initiation Protocol (SIP), to address an error in the specified handling of success (200 class) responses to INVITE requests.  Elements following RFC 3261 exactly will misidentify retransmissions of the request as a new, unassociated, request.  The correction involves modifying the INVITE transaction state machines.  The correction also changes the way responses that cannot be matched to an existing transaction are handled to address a security risk.

WGLC initiated in SIP WG 7th May 2008 to complete 21st May 2008 on -01 version. Publication requested 12th May 2010 on -03 version as proposed standard. Currently in state: Publication Requested.
3.10
Re-INVITE and Target-refresh Request Handling in the Session Initiation Protocol (SIP)

Contained in: http://www.ietf.org/internet-drafts/draft-ietf-sipcore-reinvite-03.txt
Expires: September 2010

In this document, we clarify the handling of re-INVITEs in SIP.  We clarify in which situations a UAS (User Agent Server) should generate a success response and in which situations a UAS should generate an error response to a re-INVITE.  Additionally, we clarify issues related to target-refresh requests.

WGLC initiated 22nd February 2010 to complete 8th March 2010 on -01 version (proposed status not specified). Publication requested 12th May 2010 on -03 version as proposed standard. Currently in state: Publication Requested.
3.11
An Extension to the Session Initiation Protocol (SIP) for Request History Information

Contained in: http://www.ietf.org/internet-drafts/draft-ietf-sipcore-rfc4244bis-00.txt
Expires: August 2010
This document defines a standard mechanism for capturing the history information associated with a Session Initiation Protocol (SIP) request.  This capability enables many enhanced services by providing the information as to how and why a call arrives at a specific application or user.  This document defines an optional SIP header, History-Info, for capturing the history information in requests.  A SIP/SIPS URI parameter is defined to tag information necessary to populate the History-Info header.  In addition, this document defines a value for the Privacy header specific to the History-Info header.
4
Internet drafts not yet identified as work items by the working group

Editor’s note: During the run up to an IETF meeting, there may be a delay between the submission of an internet draft, and the formal posting of the internet draft. I have adopted the policy of identifying only those versions that have been officially posted, although this may delay inclusion in this document by a few days.

The following internet drafts have been submitted, have not yet expired, but have not yet been accepted as work items by the working group. This does not preclude them currently being worked upon and being accepted as RFCs by the IESG.

Some of these may be quietly allowed to die, some may have been incorporated into another draft, and some may be under active discussion even though they have not been adopted by the working group.
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	http://www.ietf.org/internet-drafts/draft-peterson-sipcore-advprop-00.txt
	The Advertisement/Proposal Model of Session Description
	August 2010
	
	

	http://www.ietf.org/internet-drafts/draft-worley-sipcore-b2bua-passthru-00.txt
	Interoperation of "Application Server" B2BUAs with SIP Call Control
	July 2010
	
	


Proposal

This document is for information and should therefore be noted.
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