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***Next change***

J.1
Introduction

This annex defines the use of the "cpc" URI parameter for use within SIP URI and tel URI. 

Editor's note:
This annex is based on draft-patel-dispatch-cpc-oli-parameter [95] and can be removed when the internet draft becomes an RFC. If this solution does not become an RFC, this parameter will be documented in the present document.

The Calling Party's Category is represented as a SIP URI and tel URI parameter. The ABNF syntax is as follows and extends the formal sytax for the tel URI as specified in RFC 3966 [22]: 

par /= cpc

cpc = cpc-tag "=" cpc-value 

cpc-tag = "cpc" 

cpc-value 

= "ordinary" / "test" / "operator" / 

"payphone" / "unknown" / 

genvalue 

genvalue = 1*(alphanum / "-" / "." )

The Accept-Language header shall be used to express the language of the operator.

The semantics of these Calling Party's Category values are described below:

ordinary: The caller has been identified, and has no special features.

test: This is a test call that has been originated as part of a maintenance procedure.

operator: The call was generated by an operator position.

payphone: The calling station is a payphone.



unknown: The CPC could not be ascertained.

NOTE 1:
The choice of CPC values and their use are up to the Service Provider. CPC values can be exchanged across networks if specified in a bilateral agreement between the service providers.

NOTE 2:
Additional national/regional CPC values can exist (e.g. prison, police, hotel, hospital, etc.)

***Next change***

J.2
Trust domain

Entities in the IM CN subsystem shall restrict "cpc" tel URI or SIP URI parameter to specific domains that are trusted and support the "cpc" URI parameter. Therefore for the purpose of the "cpc" URI parameter within this specification, a trust domain also applies. This trust domain is identical to that of the P-Asserted-Identity header field. 
SIP functional entities within the trust domain will need to take action on the removal of the "cpc" URI parameter when the SIP signalling crosses the boundary of the trust domain. 

***Next change***

J.3
Procedures at the originating UE

The "cpc" URI parameter shall not be populated at the originating UE.

***Next change***

J.9
Procedures at the AS at the originating network

The AS may populate the "cpc" URI parameter in each initial request for a dialog or a request for a standalone transaction in the tel URI or SIP URI of the P-Asserted-Identity header field based on their origin source. 
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