
3GPP TSG CT WG1 Meeting #55
C1-083210
Budapest, Hungary, 18th – 22nd August 2008

Source:
Nortel Networks
Title:
Pseudo-CR on ICS using Gm termination procedures for SCC AS
Spec:
3GPP TS 24.292v0.2.0
Agenda item:
9.21
Document for:
Approval
1. Introduction
This document describes the SCC AS procedures for call termination when using the Gm interface. The procedures include description of where to include the SCC AS PSI DN in the INVITE where TADS in the SCC AS decides the use of CS media bearers, using Gm for service control. A general section for the SCC AS origination procedures is also included
2. Reason for Change
It is necessary to specify SCC AS behaviour for call termination. 
3. Proposal

It is proposed to agree the following changes to 3GPP TS 24.292v0.2.0.
* * * First Change * * * *

8.4
SCC AS


8.4.1
General
The following subaclauses describe the procedures at the SCC AS for call termination. In such scenarios, the SCC AS serves the terminating user. The SCC AS shall follow procedures specified in 3GPP TS 24.229 with the additional procedures described in this specification in subclauses 8.4.2, 8.4.3 and 8.4.4. These subclauses describe the procedures for the SCC AS using Gm, I1 and CS, respectively.
8.4.2
SCC AS using Gm
When the SCC AS serving the terminating ICS UE receives an initial SIP INVITE request due to initial filter criteria, the SCC AS shall:

1)
store the information received in the SIP INVITE request, including the Request-URI, P-Asserted-Identity header field, Call-ID header field, To and From header fields including tags;
2)
perform Terminating Access Domain Selection (TADS) based upon criteria described in 3GPP TS 23.232 [y];
3)
if TADS results in choosing to deleiver all media in the PS domain, skip the following steps and continue with call termination in the IM CN subsystem;
4)
if TADS results in choosing to deliver media in the CS domain, and using I1 for service control, follow the SCC AS procedures defined in subcaluse 8.4.3;

5)
if TADS results in choosing to deliver media in the CS domain, and using CS domain service control, follow the SCC AS procedures defined in subcaluse 8.4.4;
6)
if TADS results in choosing to deliver media in the CS domain, and using Gm for service control, acting as a B2BUA, the SCC AS shall create a SIP INVITE request based upon the incoming request and include the follwing:

-
in the SDP offer towards the terminating user, include an additional media line with media description set to audio; and 
-
a media level "c=" line with network type set to "PSTN" and an E.164 number set to the SCC AS PSI DN associated with the SCC AS.
7)
route the created SIP INVITE request towads the terminating user. 
When the SCC AS receives a SIP INVITE from the CS domain, indicating local preconditions met, the SCC AS shall:

1)
correlate the SIP INVITE with stored information associated with this session. 

2)
create a SIP 200 (OK) response, indicating remote preconditions met and route towards the terminating ICS UE. 

When the SCC AS receives subsequent SIP 18x and 2xx responses from the terminating UE, acting as a routing B2BUA, the SCC AS shall route these responses towards the session originator. 
* * * Next Change * * * *
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