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***** Next change *****
L.3.1.1
P-Access-Network-Info header field

The UE shall always include the P-Access-Network-Info header field where indicated in subclause 5.1.

NOTE:
If the P-Access-Network-Info header field includes radio cell identity, the P-Access-Network-Info header field populated by the UE that supports Multi-RAT Dual Connectivity with the 5GC as described in 3GPP TS 37.340 [abc] will contain the information about the radio cell identity of the Master RAN node that is serving the UE. 

***** Next change *****
R.3.1.1A
Cellular-Network-Info header field

The UE:

1)
using the Evolved Packet Core (EPC) via Untrusted Wireless Local Access Network (WLAN) as IP-CAN to access the IM CN subsystem; and

2)
supporting one or more cellular radio access technology (e.g. E-UTRAN);

shall always include the Cellular-Network-Info header field specified in subclause 7.2.15, if the information is available, in every request or response in which the P-Access-Network-Info header field is present.

NOTE:
If the Cellular-Network-Info header field includes radio cell identity, then the Cellular-Network-Info header field populated by the UE that supports Multi-RAT Dual Connectivity with the 5GC as described in 3GPP TS 37.340 [abc] will contain the information about the radio cell identity of the Master RAN node that is serving the UE. 
***** Next change *****
U.3.1.1
P-Access-Network-Info header field

The UE shall always include the P-Access-Network-Info header field where indicated in subclause 5.1.

NOTE:
If the P-Access-Network-Info header field includes radio cell identity, the P-Access-Network-Info header field populated by the UE that supports Multi-RAT Dual Connectivity with the EPC as described in 3GPP TS 37.340 [abc] will contain the information about the radio cell identity of the Master RAN node that is serving the UE. 

