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Figure 7.6-1: Handling of location information in IMS emergency calls

...

10b.
For WLAN access, the LRF may use the correlation information received in step 6 to send a request to the IMS core to retrieve a UPLI from the UE. The IMS core uses the emergency call signalling channel for that purpose. Steps 10b1 to 10b4 depict this procedure.
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this stage-2 requirement is not fulfilled yet.
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***** Next change *****
4.7.5
Location in emergency calls

A number of mechanisms also exist for providing location in support of emergency calls, both for routeing to a PSAP, and for use by the PSAP itself, in the IM CN subsystem:

a)
by the inclusion by the UE of the Geolocation header field containing a location by reference or by value (see RFC 6442 [89]);

b)
by the inclusion by the UE of a P-Access-Network-Info header field, which contains a cell identifier or location identitifier, which is subsequently mapped, potentially by the recipient, into a real location;

c)
by the inclusion by the P-CSCF of a P-Access-Network-Info header field based on information supplied by either the PCRF or the NASS, and which contains a cell identifier or location identitifier, which is subsequently mapped, potentially by the recipient, into a real location;

d)
by the allocation of a location reference that relates to the call by the LRF. Location is then supplied to the recipient over the Le interface (see 3GPP TS 23.167 [4B] for a definition of the Le interface) along with other call information. The LRF can obtain the location from entities outside the IM CN subsystem, e.g. by the e2 interface from the NASS (see ETSI TS 283 035 [98] or from the Gateway Mobile Location Centre (GMLC); and

e)
by the inclusion by the S-CSCF of a P-Access-Network-Info header field based on information supplied by HSS, and which contains a location identitifier, which is subsequently mapped, potentially by the recipient, into a real location.
Mechanisms also exist for providing emergency-related information to a PSAP, in requests subsequent to routeing an initial request to a PSAP, in the IM CN subsystem:

a)
by the inclusion by the UE of the Geolocation header field containing a location by reference or by value (see RFC 6442 [89]);

b)
by the inclusion by the UE of a P-Access-Network-Info header field, which contains a cell identifier or location identitifier, which is subsequently mapped, potentially by the recipient, into a real location;

c)
by the inclusion by the P-CSCF of a P-Access-Network-Info header field based on information supplied by either the PCRF or the NASS, and which contains a cell identifier or location identitifier, which is subsequently mapped, potentially by the recipient, into a real location;

d)
by the inclusion by the UE of the emergency-related information as specified in subclause 5.1.6.10;
e)
by the inclusion by the S-CSCF of a P-Access-Network-Info header field based on information supplied by HSS, and which contains a location identitifier, which is subsequently mapped, potentially by the recipient, into a real location; and

f)
by LRF requesting the location from the UE via E-CSCF as specified in subclause 5.12.3.x, subclause 5.11.4.x, subclause 5.11.4.y, subclause 5.11.x and subclause 5.1.6.x.
The E-CSCF routes such a subsequent request to the PSAP using normal SIP procedures.
NOTE 1: Mechanisms independent from SIP for providing the emergency related information to a PSAP after session setup exist and are not listed. The use of such mechanisms is not precluded.

Which means of providing location is used depends on local regulatory and operator requirements. One or more mechanisms can be used. Location can be subject to privacy constraints.

NOTE 2:
A similar variety of mechanisms also exists for normal calls, where location can be made use of by the recipient or by an intermediate AS, again subject to privacy constraints. The LRF is not involved in a normal call, but an AS can obtain location from the e2 interface from the NASS (see ETSI TS 283 035 [98] or from the Gateway Mobile Location Centre (GMLC).

***** Next change *****
5.1.6.8.2
Emergency session set-up in case of no registration

When establishing an emergency session for an unregistered user, the UE is allowed to receive responses to emergency requests and requests inside an established emergency session on the unprotected ports. The UE shall reject or silently discard all other messages not arriving on a protected port. Additionally, the UE shall transmit signalling packets pertaining to the emergency session from the same IP address and unprotected port on which it expects to receive signalling packets containing the responses to emergency requests and the requests inside the established emergency session.
Prior to establishing an emergency session for an unregistered user, the UE shall acquire a local IP address, discover a P-CSCF, and establish an IP-CAN bearer that can be used for SIP signalling. The UE shall send only the initial INVITE requests to the port advertised to the UE during the P-CSCF discovery procedure. If the UE does not receive any specific port information during the P-CSCF discovery procedure, the UE shall send the initial INVITE request to the SIP default port values as specified in RFC 3261 [26].
The UE shall apply the procedures as specified in subclause 5.1.2A.1 and subclause 5.1.3 with the following additions:

1)
the UE shall set the From header field of the INVITE request to "Anonymous" as specified in RFC 3261 [26];
2)
the UE shall include a service URN in the Request-URI of the initial INVITE request in accordance with subclause 5.1.6.8.1;

NOTE 1:
Other specifications make provision for emergency service identifiers, which are not specifically the emergency service URN, to be recognised in the UE. Emergency service identifiers which the UE does not detect will be treated as a normal call by the UE.

3)
the UE shall insert in the INVITE request, a To header field with the same emergency service URN as in the Request-URI;

4)
if available to the UE (as defined in the access technology specific annexes for each access technology), the UE shall include in the P-Access-Network-Info header field in any request for a dialog, any subsequent request (except CANCEL requests) or response (except CANCEL responses) within a dialog or any request. Insertion of the P-Access-Network-Info header field into the ACK request is optional. The UE shall populate the P-Access-Network-Info header field with the current point of attachment to the IP-CAN as specified for the access network technology (see subclause 7.2A.4). The P-Access-Network-Info header field contains the location identifier such as the cell id, the line id or the identity of the WLAN access node, which is relevant for routeing the emergency call;

5)
if defined by the access technology specific annex, the UE shall populate the P-Preferred-Identity header field in the INVITE request with an equipment identifier as a SIP URI. The special details of the equipment identifier to use depend on the IP-CAN;

6)
a Contact header field set to include SIP URI that contains in the hostport parameter the IP address of the UE and an unprotected port where the UE will receive incoming requests belonging to this dialog. The UE shall also include a "sip.instance" media feature tag containing Instance ID as described in RFC 5626 [92]. The UE shall not include either the public or temporary GRUU in the Contact header field;

7)
a Via header field set to include the IP address of the UE in the sent-by field and for the UDP the unprotected server port value where the UE will receive response to the emergency request, while for the TCP, the response is received on the TCP connection on which the emergency request was sent. For the UDP, the UE shall also include "rport" header field parameter with no value in the top Via header field. Unless the UE has been configured to not send keep-alives, and unless the UE is directly connected to an IP-CAN for which usage of NAT is not defined, it shall include a "keep" header field parameter with no value in the Via header field, in order to indicate support of sending keep-alives associated with, and during the lifetime of, the emergency session, as described in RFC 6223 [143];

NOTE 2:
The UE inserts the same IP address and port number into the Contact header field and the Via header field, and sends all IP packets to the P-CSCF from this IP address and port number.

8)
if the UE has its location information available, or a URI that points to the location information, the UE shall include a Geolocation header field in the INVITE request in the following way:

-
if the UE is aware of the URI that points to where the UE's location is stored, include the URI as the Geolocation header field value, as described in RFC 6442 [89]; or
-
if the UE is aware of its location information, include the location information in a PIDF location object, in accordance with RFC 4119 [90], include the location object in a message body with the content type application/pidf+xml, and include a Content ID URL, referring to the message body, as the Geolocation header field value, as described RFC 6442 [89], and include a Content-Disposition header field with a disposition type "render" value and a "handling" header field parameter with an "optional" value, as described in RFC 3261 [26];
9)
if the UE includes a Geolocation header field, the UE shall also include a Geolocation-Routing header field with a "yes" header field value, which indicates that the location of the UE can be used by other entities to make routing decisions, as described in RFC 6442 [89];
10)
if the UE has neither geographical location information available, nor a URI that points to the location information, the UE shall not insert a Geolocation header field in the INVITE request; and
NOTE 3:
It is suggested that UE's only use the option of providing a URI when the domain part belongs to the current P-CSCF or S-CSCF provider. This is an issue on which the network operator needs to provide guidance to the end user. A URI that is only resolvable to the UE which is making the emergency call is inapplicable in this area.

11)
if support of the current location discovery during an emergency call is allowed in the IP-CAN specific annex, the UE shall include a Recv-Info header field as described in RFC 6086 [25], indicating the g.3gpp.current-location-discovery info package name and shall include an Accept header field indicating the "application/vnd.3gpp.current-location-discovery+xml" MIME type.
NOTE 4:
During the dialog, the points of attachment to the IP-CAN of the UE can change (e.g. UE connects to different cells). The UE will populate the P-Access-Network-Info header field in any request or response within a dialog with the current point of attachment to the IP-CAN (e.g. the current cell information).

The UE shall build a proper preloaded Route header field value for all new dialogs. The UE shall build a Route header field value containing only the P-CSCF URI (containing the unprotected port number and the IP address acquired at the time of the P-CSCF discovery procedures which was used in registration of the contact address (or registration flow).

NOTE 5:
If the UE is provisioned with or receives a FQDN at the time of the P-CSCF discovery procedures, the FQDN is resolved to an IP address at the time of the P-CSCF discovery procedures.
When a SIP transaction times out, i.e. timer B, timer F or timer H expires at the UE, the UE may behave as if timer F expired, as described in subclause 5.1.1.4.

NOTE 6:
It is an implementation option whether these actions are also triggered by other means.

NOTE 7:
A number of header fields can reveal information about the identity of the user. Where privacy is required, implementers should also give consideration to other header fields that can reveal identity information. RFC 3323 [33] subclause 4.1 gives considerations relating to a number of header fields.

NOTE 8:
RFC 3261 [26] provides for the use of the Priority header field with a suggested value of "emergency". It is not precluded that emergency sessions contain this value, but such usage will have no impact on the processing within the IM CN subsystem.

If the response for the initial INVITE request indicates that the UE is behind NAT, and the INVITE request was sent over TCP connection, the UE shall keep the TCP connection during the entire duration of the emergency session. In this case the UE will receive all responses to the emergency requests and the requests inside the established emergency session over this TCP connection.

If the Via header field of any provisional response, or of the final 200 (OK) response, for the initial INVITE request contains a "keep" header field parameter with a value, unless the UE detects that it is not behind a NAT, the UE shall start to send keep-alives associated with the session towards the P-CSCF, as described in RFC 6223 [143].
***** Next change *****
5.1.6.8.3
Emergency session set-up within an emergency registration

After a successful initial emergency registration, the UE shall apply the procedures as specified in subclause 5.1.2A and 5.1.3 with the following additions:

1)
the UE shall insert in the INVITE request, a From header field that includes the public user identity registered via emergency registration or the tel URI associated with the public user identity registered via emergency registration, as described in subclause 4.2;

2)
the UE shall include a service URN in the Request-URI of the INVITE request in accordance with subclause 5.1.6.8.1;

3)
the UE shall insert in the INVITE request, a To header field with the same emergency service URN as in the Request-URI;

4)
if available to the UE, and if defined for the access type as specified in subclause 7.2A.4, the P-Access-Network-Info header field shall contain a location identifier such as the cell id, line id or the identity of the WLAN access node, which is relevant for routeing the IMS emergency call;

NOTE 1:
The IMS emergency specification in 3GPP TS 23.167 [4B] describes several methods how the UE can get its location information from the access network or from a server. Such methods are not in the scope of this specification.

5)
the UE shall insert in the INVITE request, one or two P-Preferred-Identity header field(s) that include the public user identity registered via emergency registration or the tel URI associated with the public user identity registered via emergency registration as described in subclause 4.2;

NOTE 2:
Providing two P-Preferred-Identity header fields is usually supported by UE acting as enterprise network.

6)
void;

7)
if the UE has its location information available, or a URI that points to the location information, then the UE shall include a Geolocation header field in the INVITE request in the following way:

-
if the UE is aware of the URI that points to where the UE's location is stored, include the URI as the Geolocation header field value, as described in RFC 6442 [89]; or
-
if the UE is aware of its location information, include the location information in a PIDF location object, in accordance with RFC 4119 [90], include the location object in a message body with the content type application/pidf+xml, and include a Content ID URL, referring to the message body, as the Geolocation header field value, as described RFC 6442 [89], and include a Content-Disposition header field with a disposition type "render" value and a "handling" header field parameter with an "optional" value, as described in RFC 3261 [26];
8)
if the UE includes a Geolocation header field, the UE shall also include a Geolocation-Routing header field with a "yes" header field value, which indicates that the location of the UE can be used by other entities to make routing decisions, as described in RFC 6442 [89];
NOTE 3:
It is suggested that UE's only use the option of providing a URI when the domain part belongs to the current P-CSCF or S-CSCF provider. This is an issue on which the network operator needs to provide guidance to the end user. A URI that is only resolvable to the UE which is making the emergency call is not desirable.

9)
if the UE has neither geographical location information available, nor a URI that points to the location information, the UE shall not insert a Geolocation header field in the INVITE request; and
10)
if support of the current location discovery during an emergency call is allowed in the IP-CAN specific annex, the UE shall include a Recv-Info header field as described in RFC 6086 [25], indicating the g.3gpp.current-location-discovery info package name and shall include an Accept header field indicating the "application/vnd.3gpp.current-location-discovery+xml" MIME type.
NOTE 4:
RFC 3261 [26] provides for the use of the Priority header field with a suggested value of "emergency". It is not precluded that emergency sessions contain this value, but such usage will have no impact on the processing within the IM CN subsystem.

In the event the UE receives a 380 (Alternative Service) response with a P-Asserted-Identity header field with a value equal to the value of the last entry on the Path header field value received during registration, and the Content-Type header field set according to subclause 7.6 (i.e. "application/3gpp-ims+xml"), independent of the value or presence of the Content-Disposition header field, independent of the value or presence of Content-Disposition parameters, then the following treatment is applied:

1)
if the 380 (Alternative Service) response includes a 3GPP IM CN subsystem XML body as described in subclause 7.6 the <ims-3gpp> element, including a version attribute, with the <alternative-service> child element with the <type> child element set to "emergency" (see table 7.6.2), then the UE shall:

a)
if the CS domain is available to the UE, and no prior attempt using the CS domain for the current emergency call attempt has been made, attempt emergency call via CS domain using appropriate access technology specific procedures;
b)
if the CS domain is not available to the UE or the emergency call has already been attempted using the CS domain, then perform one of the following actions:

-
if the <action> child element of the <alternative-service> child element of the <ims-3gpp> element in the IM CN subsystem XML body as described in subclause 7.6 is set to "emergency-registration" (see table 7.6.3), perform an initial emergency registration using a different VPLMN if available, as described in subclause 5.1.6.2 and if the new emergency registration succeeded, attempt an emergency call as described in this subclause; or
-
perform implementation specific actions to establish the emergency call; and

2)
if the 380 (Alternative Service) response includes a 3GPP IM CN subsystem XML body as described in subclause 7.6 with the <ims-3gpp> element, including a version attribute, with the <alternative-service> child element with the <type> child element set to "emergency" (see table 7.6.2) then the UE may also provide an indication to the user based on the text string contained in the <reason> child element of the <alternative-service> child element of the <ims-3gpp> element.

NOTE 4:
The last entry on the Path header field value received during registration is the value of the SIP URI of the P-CSCF. If there are multiple registration flows associated with the registration, then the UE has received from the P-CSCF during registration multiple sets of Path header field values. The last entry of the Path header field value corresponding to the flow on which the 380 (Alternative Service) response was received is checked.
***** Next change *****
5.1.6.8.4
Emergency session setup within a non-emergency registration

The UE shall apply the procedures as specified in subclauses 5.1.2A and 5.1.3 with the following additions:

1)
the UE shall include a service URN in the Request-URI of the INVITE request in accordance with subclause 5.1.6.8.1;

2)
the UE shall insert in the INVITE request, a To header field with the same emergency service URN as in the Request-URI;

3)
the UE shall insert in the INVITE request, a From header field that includes the public user identity or the tel URI associated with the public user identity, as described in subclause 4.2;
4)
if available to the UE, and if defined for the access type as specified in subclause 7.2A.4, the UE shall insert in the P-Access-Network-Info header field a location identifier such as the cell id, line id or the identity of the WLAN access node, which is relevant for routeing the IMS emergency call;

NOTE 1:
3GPP TS 23.167 [4B] describes several methods how the UE can get its location information from the access network or from a server. Such methods are not in the scope of this specification.

5)
the UE shall insert in the INVITE request one or two P-Preferred-Identity header field(s) that include the public user identity or the tel URI associated with the public user identity as described in subclause 4.2;

NOTE 2:
Providing two P-Preferred-Identity header fields is usually supported by UE acting as enterprise network.

6)
if the UE has its location information available, or a URI that points to the location information, then the UE shall include a Geolocation header field in the INVITE request in the following way:

-
if the UE is aware of the URI that points to where the UE's location is stored, include the URI as the Geolocation header field value, as described in RFC 6442 [89]; or
-
if the UE is aware of its location information, include the location information in a PIDF location object, in accordance with RFC 4119 [90], include the location object in a message body with the content type application/pidf+xml, and include a Content ID URL, referring to the message body, as the Geolocation header field value, as described RFC 6442 [89], and include a Content-Disposition header field with a disposition type "render" value and a "handling" header field parameter with an "optional" value, as described in RFC 3261 [26];
7)
if the UE includes a Geolocation header field, the UE shall also include a Geolocation-Routing header field with a "yes" header field value, which indicates that the location of the UE can be used by other entities to make routing decisions, as described in RFC 6442 [89];

8)
if the UE has neither geographical location information available, nor a URI that points to the location information, the UE shall not insert a Geolocation header field in the INVITE request;
NOTE 3:
It is suggested that UE's only use the option of providing a URI when the domain part belongs to the current P-CSCF or S-CSCF provider. This is an issue on which the network operator needs to provide guidance to the end user. A URI that is only resolvable to the UE which is making the emergency call is not desirable.

9)
if a public GRUU value ("pub-gruu" header field parameter) has been saved associated with the public user identity to be used for this request, then insert the public GRUU ("pub-gruu" header field parameter) value in the Contact header field as specified in RFC 5627 [93]. Otherwise the UE shall include the address in the Contact header field set to contain the IP address or FQDN of the UE, and the UE shall also include:
-
if IMS AKA or SIP digest with TLS is being used as a security mechanism, the protected server port value as in the initial registration; or

-
if SIP digest without TLS, NASS-IMS bundled authentication or GPRS-IMS-Bundled Authentication is being used as a security mechanism, the port value of an unprotected port where the UE expects to receive subsequent mid-dialog requests. The UE shall set the unprotected port value to the port value used in the initial registration; and
10)
if support of the current location discovery during an emergency call is allowed in the IP-CAN specific annex, the UE shall include a Recv-Info header field as described in RFC 6086 [25], indicating the g.3gpp.current-location-discovery info package name and shall include an Accept header field indicating the "application/vnd.3gpp.current-location-discovery+xml" MIME type.
In the event the UE receives a 380 (Alternative Service) response with a P-Asserted-Identity header field with a value equal to the value of the SIP URI of the P-CSCF received in the Path header field during registration, and the Content-Type header field set according to subclause 7.6 (i.e. "application/3gpp-ims+xml"), independent of the value or presence of the Content-Disposition header field, independent of the value or presence of Content-Disposition parameters, then the following treatment is applied:

a)
if the 380 (Alternative Service) response includes a 3GPP IM CN subsystem XML body as described in subclause 7.6 with an <ims-3gpp> element, including a version attribute, with an <alternative-service> child element with the <type> child element set to "emergency" (see table 7.6.2), then the UE shall:

-
if the <action> child element of the <alternative-service> child element of the <ims-3gpp> element in the IM CN subsystem XML body as described in subclause 7.6 is set to "emergency-registration" (see table 7.6.3), perform an initial emergency registration, as described in subclause 5.1.6.2 and attempt an emergency call as described in subclause 5.1.6.8.3;

-
attempt emergency call via CS domain using appropriate access technology specific procedures, if available and not already tried; or

-
perform implementation specific actions to establish the emergency call; and

b)
if the 380 (Alternative Service) response includes a 3GPP IM CN subsystem XML body as described in subclause 7.6 with an <ims-3gpp> element, including a version attribute, with an <alternative-service> child element with the <type> child element set to "emergency" (see table 7.6.2) then the UE may also provide an indication to the user based on the text string contained in the <reason> child element of the <alternative-service> child element of the <ims-3gpp> element.
NOTE 4:
RFC 3261 [26] provides for the use of the Priority header field with a suggested value of "emergency". It is not precluded that emergency sessions contain this value, but such usage will have no impact on the processing within the IM CN subsystem.

NOTE 5:
The last entry on the Path header field value received during registration is the value of the SIP URI of the P-CSCF. If there are multiple registration flows associated with the registration, then the UE has received from the P-CSCF during registration multiple sets of Path header field values. The last entry of the Path header field value corresponding to the flow on which the 380 (Alternative Service) response was received is checked.
***** Next change *****
5.1.6.x
Current location discovery during an emergency call
5.1.6.x.1
General

The UE can be requested to provide the current location information during an an established emergency call.

5.1.6.x.2
Current location information requested
If:

1)
the UE indicated a Recv-Info header field with the g.3gpp.current-location-discovery info package name in the dialog of the emergency call;
2)
the UE indicated an Accept header field indicating the "application/vnd.3gpp.current-location-discovery+xml" MIME type in the dialog of the emergency call; and
3)
the dialog of the emergency call is a confirmed dialog;
then upon receiving an INFO request as described in RFC 6086 [25] as in-dialog request of the dialog of the emergency call:
1)
with Info-Package header field as described in RFC 6086 [25], containing the g.3gpp.current-location-discovery info package name; and

`2)
with a request-for-current-location body as specified in subclause 7.12.x.2 in the MIME body of "application/vnd.3gpp.current-location-discovery+xml" MIME type;
the UE shall perform the procedure in subclause 5.1.6.x.3.
5.1.6.x.3
 Providing current location information

In order to provide the location information, the UE shall apply the procedures as specified in subclauses 5.1.2A with the following additions.

The UE shall send a PUBLISH request as described in RFC 3903 [70] and RFC 3856 [74], as an in-dialog request of the dialog of the emergency call. In the PUBLISH request, the UE shall include an application/pidf+xml MIME body. If the UE has its location information available, the UE shall include the location information in a PIDF location object, in accordance with RFC 4119 [90] in the application/pidf+xml MIME body. 

NOTE:
If the UE does not have its location information available, a PUBLISH request with an application/pidf+xml MIME body not containing a PIDF location object is sent.
***** Next change *****
5.11.4.x
Subscription to the presence event package
When an incoming SUBSCRIBE request addressed to the E-CSCF arrives containing the Event header field with the presence event package and a Target-Dialog header field:

1)
based on the local policy, the E-CSCF shall check if the request was generated by a subscriber who is authorised to subscribe to the registration state of this particular user. The authorized subscribers include:
-
all the LRFs that belong to the same network operator.


If the requester is not authorised, the E-CSCF shall reject the request with an appropriate 4xx – 6xx response;
2)
the E-CSCF shall determine the dialog of the related emergency call, i.e. a confirmed dialog identified by:

a)
the call identifier in the callid portion of the Target-Dialog header field; and
b)
the "remote-tag" header field parameter of the Target-Dialog header field.
If such dialog does not exist, the E-CSCF shall reject the request with an appropriate 4xx – 6xx response;

3)
if :
a)
the UE did not indicate a Recv-Info header field with the g.3gpp.current-location-discovery info package name in the dialog of the related emergency call; or
b)
the UE did not indicate an Accept header field indicating the "application/vnd.3gpp.current-location-discovery+xml" MIME type in the dialog of the related emergency call;


the E-CSCF shall reject the request with an appropriate 4xx – 6xx response;
4)
the E-CSCF shall store the "icid-value" header field parameter received in the P-Charging-Vector header field;

5)
the E-CSCF shall store the "orig-ioi" header field parameter received in the P-Charging-Vector header field if present; and
NOTE:
Any received "orig-ioi" header field parameter will be a type 3 IOI. The type 3 IOI identifies the service provider from which the request was sent.

6)
the E-CSCF shall generate a 200 (OK) response acknowledging the SUBSCRIBE request and indicating that the authorised subscription was successful as described in RFC 4235 [171]. The E-CSCF shall populate the header fields as follows:

-
an Expires header field, set to either the same or a decreased value as the Expires header field in the SUBSCRIBE request; and

-
a P-Charging-Vector header field containing the "orig-ioi" header field parameter, if received in the SUBSCRIBE request, a type 3 "term-ioi" header field parameter and the "icid-value" header field parameter. The E-CSCF shall set the type 3 "term-ioi" header field parameter to a value that identifies the sending network of the response, the "orig-ioi" header field parameter is set to the previously received value of the "orig-ioi" header field parameter and the "icid-value" header field parameter is set to the received value of the "icid-value" header field parameter in the request;
7)
the E-CSCF shall associate the dialog of the 200 (OK) response to the SUBSCRIBE request with the dialog of the related emergency call;
8)
if the Expires header field of the SUBSCRIBE request is set to zero, the E-CSCF shall perform the procedure in subclause 5.11.x.2 in the dialog of the related emergency call and shall indicate that the receiving entity is requested to send the location information once; and
9)
if the Expires header field of the SUBSCRIBE request is not set to zero, the E-CSCF shall perform the procedure in subclause 5.11.x.2 in the dialog of the related emergency call and shall indicate that the receiving entity is requested to start sending the location information.
The E-CSCF may set the Contact header field to an identifier uniquely associated to the SUBSCRIBE request and generated within the E-CSCF, that may help the E-CSCF to correlate refreshes for the SUBSCRIBE.

Afterwards the E-CSCF shall perform the procedures for notification about presence event as described in subclause 5.11.4.y.

When the E-CSCF receives a subscription refresh request for the subscription associated with the initial SUBSCRIBE request, the E-CSCF shall accept the request.

When the E-CSCF receives an unsubscription request for the subscription associated with the initial SUBSCRIBE request:

1)
the E-CSCF shall accept the request; and
2)
if the dialog of the related emergency call still exists, the E-CSCF shall perform the procedure in subclause 5.11.x.2 in the dialog of the related emergency call and shall indicate that the receiving entity is requested to stop sending the location information.
5.11.4.y
Notification about presence
Upon reception of a PUBLISH request in the dialog of the related emergency call as described in subclause 5.11.x.3, the E-CSCF shall send a NOTIFY request for the presence event package as specified in RFC 6665 [28]. The E-CSCF:
1)
if the PUBLISH request contains a body of the "application/pidf+xml" MIME type, shall include in the NOTIFY request the body of the "application/pidf+xml" MIME type of the PUBLISH request;
2)
if the PUBLISH request contains P-Access-Network-Info header field(s), shall include in the NOTIFY request the P-Access-Network-Info header field(s) of the PUBLISH request; and
3)
shall set the P-Charging-Vector header field with the "icid-value" header field parameter populated as specified in 3GPP TS 32.260 [17], and a type 3 "orig-ioi" header field parameter in the NOTIFY request. The E-CSCF shall set the type 3 "orig-ioi" header field parameter to a value that identifies the sending network of the request. The E-CSCF shall not include the type 3 "term-ioi" header field parameter.

If the dialog of the related emergency call is terminated, the E-CSCF shall send a NOTIFY request for the presence event package indicating that the subscription is terminated by setting the Subscription-State header field to the "terminated" value. The E-CSCF shall set the P-Charging-Vector header field with the "icid-value" header field parameter populated as specified in 3GPP TS 32.260 [17], and a type 3 "orig-ioi" header field parameter in the NOTIFY request. The E-CSCF shall set the type 3 "orig-ioi" header field parameter to a value that identifies the sending network of the request. The E-CSCF shall not include the type 3 "term-ioi" header field parameter.
When the E-CSCF receives any response to the NOTIFY request, the E-CSCF shall store the value of the "term-ioi" header field parameter received in the P-Charging-Vector header field, if present.

NOTE:
Any received "term-ioi" header field parameter will be a type 3 IOI. The type 3 IOI identifies the service provider from which the response was sent.

***** Next change *****
5.11.x
Current location discovery during an emergency call
5.11.x.1
General

The UE can be requested to provide the current location information during an emergency call.

5.11.x.2
Requesting current location informaton

If:

1)
the UE indicated a Recv-Info header field with the g.3gpp.current-location-discovery info package name in the dialog of the emergency call;
2)
the UE indicated an Accept header field indicating the "application/vnd.3gpp.current-location-discovery+xml" MIME type in the dialog of the emergency call; and
3)
the dialog of the emergency call is a confirmed dialog;
then in order to request providing of the location information, the E-CSCF shall send an INFO request as described in RFC 6086 [25], as an in-dialog request of the dialog of the emergency call towards the UE. In the INFO request:

1)
the E-CSCF shall include an Info-Package header field as described in RFC 6086 [25], containing the g.3gpp.current-location-discovery info package name; and
2)
the E-CSCF shall include an request-for-current-location body as specified in subclause 7.12.x.2 in the MIME body of "application/vnd.3gpp.current-location-discovery+xml" MIME type.
5.11.x.3
Receiving current location informaton
Upon receiving a PUBLISH request as described in RFC 3903 [70] as in-dialog request of the dialog of the emergency call, with Event header field containing the presence info package name, the E-CSCF shall perform the procedures described in subclause 5.11.4.y.
***** Next change *****
5.12.3.x
Notification about UE location

Based on operator policy, the LRF can subscribe to UE location as it receives the requests.

Upon generation of a 300 response to an incoming dialog forming request that contains a reference identifier, the LRF shall generate a SUBSCRIBE request to the presence event package in accordance with RFC 6665 [28] and RFC 3856 [74]. The LRF shall include the following additional information in the SUBSCRIBE request:

a)
the Request-URI set to an E-CSCF address;

b)
a Target-Dialog header field with the callid portion and the "remote-tag" header field parameter set to the values in the original request to which the 3xx response was generated. No "local-tag" header field parameter can be included as it is not known by the LRF;
c)
an Expires header field set to 86400 seconds or to 0 seconds; and
d)
a P-Charging-Vector header field with the "icid-value" header field parameter populated as specified in 3GPP TS 32.260 [17] and a type 3 "orig-ioi" header field parameter. The type 3 "orig-ioi" header field parameter identifies the service provider from which the request is sent. The LRF shall not include the type 3 "term-ioi" header field parameter.
When, as a result of successful subscription to the presence event package, the LRF receives a notification containing the UE location, the LRF shall update its record for the dialog indicated in the Target-Dialog header field of the SUBSCRIBE request.

***** Next change *****
7.12.x
g.3gpp.current-location-discovery info package and request-for-current-location body
7.12.x.1
g.3gpp.current-location-discovery info package

7.12.x.1.1
General

This subclause contains information required for registration of the g.3gpp.current-location-discovery info package with IANA.

Editor’s note (WI: SEW2-CT, CR#5707): MCC is asked to register the g.3gpp.current-location-discovery info package with IANA once the CR is incorporated into 3GPP TS 24.229.
7.12.x.1.2
Overall description

Location of a UA participating in an INVITE-initiated dialog can change during duration of the INVITE-initiated dialog.
The g.3gpp.current-location-discovery info package enables a UA participanting in an INVITE-initiated dialog to indicate a request for location information to the other UA participating in the INVITE-initiated dialog.

7.12.x.1.3
Applicability
A number of solutions for the transportation of the pieces of information identified in the overall description were identified and considered:
1)
Use of session related methods for transporting event and state information, e.g. re-INVITE request, UPDATE request.

2)
Use of OPTIONS request.

3)
Use of SIP MESSAGE method.

4)
Use of media plane mechanisms.

5)
Use of subscription to the presence event package as described in RFC 3856 [74].

6)
Use of SIP INFO method as decribed in RFC 6086 [25], by defining a new info package.

Furthermore, each of the solutions was evaluated.

Use of session related methods was discounted since purpose of the INVITE request and the UPDATE request was to modify the dialog, or the parameters of the session or both and neither the dialog nor the parameters of the session needed to be modified.

Use of the OPTIONS request was discounted since purpose of the OPTIONS request was to query UAS for UAS' capabilites rather than requesting an information available at the UAS.

Use of the MESSAGE request was discounted since the use of the INFO method enabled negotiation of supported event packages in the INVITE transaction while the use of the MESSAGE method did not.
Use of the media plane mechanisms was discounted since the amount of information transferred between the UAs was limited and set up of media stream generated generate extra messages.
Use of the presence event package was discounted since the dialog reuse technique was deprecated accoding to RFC 6665 [28]. Thus, SUBSCRIBE request for the presence event package needed to be sent using a dialog other than any dialog established as result of a INVITE request. However, in some situation - e.g. an emergency session initiated by a UA without a prior registration, there was no way how to ensure delivery of a new initial request for a dialog to the UA. The remote target indicated in Contact header field of:

-
the INVITE request; or 
-
the received response to the INVITE request;

sent by the UA was not necessarily globally routable (e.g. when the UA was behind NAT or when the UA was behind a SIP proxy with a firewall), and the route set indicated in the Record-Route header fields of:

-
the INVITE request; or
-
the received response to the INVITE request;

sent by the UA might be dedicated to the messages of dialogs established as result of the INVITE request.
Based on the above analyses, the SIP INFO method was chosen.
7.12.x.1.4
Info package name

Info package name is: g.3gpp.current-location-discovery
7.12.x.1.5
Info package parameters

No info package parameters are defined for the g.3gpp.current-location-discovery info package.
7.12.x.1.6
SIP option tags

No SIP option tags are defined for the g.3gpp.current-location-discovery info package.
7.12.x.1.7
INFO message body parts

The MIME type of the body is application/vnd.3gpp.current-location-discovery+xml. The application/vnd.3gpp.current-location-discovery+xml MIME type is defined in 3GPP TS 24.229.

When associated with the g.3gpp.current-location-discovery info package, the Content-Disposition value of the body is "info-package".

7.12.x.1.8
Info package usage restrictions

No usage restrictions are defined for the g.3gpp.current-location-discovery info package.

7.12.x.1.9
Rate of INFO requests

No maximum rate or minimum rate is defined for sending INFO requests associated with the g.3gpp.current-location-discovery info package.

7.12.x.1.10
Info package security considerations

The security of the g.3gpp.current-location-discovery info package is based on the generic security mechanism provided for the underlaying SIP signalling.
As the location information is a sensitive information, unless the location information is requested from a UA who initiated an emergency session, the UA requested to provide the location information needs to authorize the request with the user at the UA.
7.12.x.2
Request-for-current-location body
7.12.x.2.2
General
Editor’s note (WI: SEW2-CT, CR#5707): MCC is asked to register the "application/vnd.3gpp.current-location-discovery+xml" MIME type with IANA once the CR is incorporated into 3GPP TS 24.229.

The request-for-current-location body is of "application/vnd.3gpp.current-location-discovery+xml" MIME type.

The request-for-current-location body is an XML document compliant to the XML schema defined in subclause 7.12.x.2.3, compliant to the additional syntax rules in subclause 7.12.x.2.4, with semantic defined in subclause 7.12.x.2.5.
7.12.x.2.3
XML schema
The XML Schema, is defined in table 7.12.x.2.3.1.

Table 7.12.x.2.3.1: XML schema of application/vnd.3gpp.current-location-discovery+xml MIME type
<?xml version="1.0" encoding="UTF-8"?>

<xs:schema xmlns:xs="http://www.w3.org/2001/XMLSchema"

    elementFormDefault="qualified"

    attributeFormDefault="unqualified">

  <xs:element name="requestForLocationInformation"

    type="requestForLocationInformationType"/>

  <xs:complexType name="requestForLocationInformationType">

    <xs:sequence>

      <xs:choice>

        <xs:element name="oneShot" type="anyExtType"/>

        <xs:element name="startSending" type="startSendingType"/>

        <xs:element name="stopSending" type="anyExtType"/>

        <xs:element name="anyExt" type="anyExtType"/>

        <xs:any namespace="##other" processContents="lax"/>

      <xs:choice>

      <xs:element name="anyExt" type="anyExtType" minOccurs="0"/>

      <xs:any namespace="##other" processContents="lax" minOccurs="0"

        maxOccurs="unbounded"/>

    </xs:sequence>

    <xs:anyAttribute namespace="##any" processContents="lax"/>

    </xs:complexType>

  </xs:element>

  <xs:complexType name="startSendingType">

    <xs:sequence>

      <xs:any namespace="##any" processContents="lax" minOccurs="0"

        maxOccurs="unbounded"/>

    </xs:sequence>

    <xs:attribute type="minimalPeriod" type="xs:unsignedInt" use="optional"/>

    <xs:anyAttribute namespace="##any" processContents="lax"/>

  </xs:complexType>

  <xs:complexType name="anyExtType">

    <xs:sequence>

      <xs:any namespace="##any" processContents="lax" minOccurs="0"

        maxOccurs="unbounded"/>

    </xs:sequence>

    <xs:anyAttribute namespace="##any" processContents="lax"/>

  </xs:complexType>

</xs:schema>
7.12.x.2.4
Additional syntax rules

The <requestForLocationInformation> element is the root element.

The <requestForLocationInformation> root element contains:

1)
one of the following elements: 

a)
the <oneShot> element;
b)
the <anyExt> element;and
c)
an element from another namespace for the purposes of extensibility;
2)
zero or one <anyExt> element;and
3)
zero or more elements from other namespaces for the purposes of extensibility; and
4)
zero or more attributes from any namespaces for the purpose of extensibility.
The <oneShot> element contains:

1)
zero or more elements from any namespaces for the purposes of extensibility; and
2)
zero or more attributes from any namespaces for the purpose of extensibility.
The <anyExt> element contains:

1)
zero or more elements from any namespaces for the purposes of extensibility; and
2)
zero or more attributes from any namespaces for the purpose of extensibility.
7.12.x.2.5
Semantic

The <oneShot> child element of the <requestForLocationInformation> root element indicates that the receiving entity is requested to send the location information once.
The <anyExt> element contains elements defined in future version of this specification.

The receiving entity ignores any unknown XML element and any unknown XML attribute.

7.12.x.2.5
IANA registration
Your name: 
<MCC name>
Your email address:
<MCC email>
Media type name:
application

Subtype name:
vnd.3gpp.current-location-discovery+xml
Required parameters:
none.
Optional parameters: 
1)
"charset" - the parameter has identical semantics to the charset parameter of the "application/xml" media type as specified in section 9.1 of IETF RFC 7303 [rfc7303].
Encoding considerations:
binary.

Security considerations: 
same as general security considerations for application/xml media type as specified in section 9.1 of RFC 7303 [rfc7303]. In addition, this media type provides a format for exchanging information in SIP, so the security considerations from RFC 3261 [26] apply.
The information transported in this MIME media type does not include active or executable content.
Mechanisms for privacy and integrity protection of protocol parameters exist. Those mechanisms as well as authentication and further security mechanisms are described in 3GPP TS 24.229.
This media type includes provisions for directives that institute actions on a recipient's files or other resources. The action is providing the location information. The action is providing the location information of the entity receiving the body. Except when sent a part of an emergency session, the entity receiving the body needs to request the user at the entity to authorize the action.
This media type includes provisions for directives that institute actions that, while not directly harmful to the recipient, may result in disclosure of information that either facilitates a subsequent attack or else violates a recipient's privacy in any way. The action is providing the location information of the entity receiving the body. Except when sent a part of an emergency session, the entity receiving the body needs to request the user at the entity to authorize the action.
This media type does not employ compression.
Interoperability considerations:
Same as general interoperability considerations for application/xml media type as specified in section 9.1 of IETF RFC 7303 [rfc7303].
Published specification:
3GPP TS 24.229, (http://www.3gpp.org/ftp/Specs/html-info/24229.htm)

Applications which use this media type:
This MIME type is used for a MIME body within SIP INFO requests.
Fragment identifier considerations:

The handling in section 5 of IETF RFC 7303 [rfc7303] applies.

Restrictions on usage:

None

Provisional registration? (standards tree only):

N/A

Additional information:
1)
Deprecated alias names for this type: none
2)
Magic number(s): none
3)
File extension(s): none
4)
Macintosh file type code(s): none
5)
Object identifier(s) or OID(s): none
Intended usage:
Common.

Person to contact for further information

1) Name: <MCC>
2) Email: <MCC email>
3) Author/change controller:
i)
Author: 3GPP CT1 Working Group/3GPP_TSG_CT_WG1@LIST.ETSI.ORG
ii)
Change controller: <MCC name>/<MCC email address> 
***** Next change *****
B.2.2.6.x
Current location discovery during an emergency call
Void.
E.2.2.6.x
Current location discovery during an emergency call
Void.
H.2.2.6.x
Current location discovery during an emergency call
Void.

L.2.2.6.x
Current location discovery during an emergency call
Void.

M.2.2.6.x
Current location discovery during an emergency call
Void.

O.2.2.6.x
Current location discovery during an emergency call
Void.

Q.2.2.6.x
Current location discovery during an emergency call
Void.

S.2.2.6.x
Current location discovery during an emergency call
Void.
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