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***** Next change *****
9.3.5.5
SCC AS procedures for PS to CS dual radio access transfer of a terminating session in the alerting phase

When the SCC AS receives a SIP 488 (Not Acceptable Here) response to the SIP INVITE request creating the session in the terminating alerting phase without an SDP MIME body and if the SCC AS supports PC to CS dual radio access transfer of sessions in the alerting phase then the SCC AS shall:

1)
if a SIP 180 (Ringing) response to the SIP INVITE request has been received from the SC UE;

2)
if the SCC AS included a g.3gpp.ps2cs-drvcc-orig-pre-alerting feature-capability indicator according to annex C in the SIP INVITE request; and

3)
if the Contact header field provided by the SC UE towards the SCC AS in the SIP 180 (Ringing) response request included a g.3gpp.drvcc-alerting media feature tag,

terminate the call over CS as follows:

1)
perform the actions according to the subclause 10.4.7 in 3GPP TS 24.292 [4] with the following clarifications:

a)
the URI in the Request-URI shall be set to C-MSISDN; and

b)
the P-Asserted-Identity header field set to:

-
if the SIP 180 (Ringing) response contained the g.3gpp.dynamic-stn media feature tag  according to annex C and RFC 3840 [53] in the Contact header field, the dynamic STN; and

-
if the SIP 180 (Ringing) response did not contained the g.3gpp.dynamic-stn media feature tag to annex C and RFC 3840 [53] in the Contact header field, the static STN.

When the SCC AS receives a SIP 1xx response with an SDP answer the SCC AS shall:

a)
send a SIP PRACK request towards the CS domain;

b)
send an SIP UPDATE request to the remote UE populated as follows:

-
the Request-URI set to the URI contained in the Contact header field returned at the creation of the dialog with the remote UE; 
-
the Contact header field set to the Contact header field provided by the served UE at the creation of the dialog with the remote UE; and
-
anew SDP offer, including the media characteristics as received in the SIP 1xx response with the SDP answer, by following the rules of 3GPP TS 24.229 [2].

Upon receipt of the SIP 200 (OK) response to the SIP UPDATE request, the SC AS shall remove non-transferred audio media components and release the source access leg as specified in subclause 9.3.6.
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