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****************** change 1 ******************

12.4.2.2
General

If the MSC server supports the CS to PS SRVCC, upon receiving HO required for a UE including an indication that the HO is for CS to PS as described in 3GPP TS 23.216 [15], the MSC server shall:
1)
determine the transferable dialog set which are all SIP dialogs: 

A)
interworked with the CS calls of the UE; and

B)
supporting a session; and

2)
if the determined transferable dialog set is not empty:

A)
determine the dialog for communication with ATCF as follows:

a)
if a CS call in Active (N10) state (defined in 3GPP TS 24.008 [8]) and Idle auxiliary state (defined in 3GPP TS 24.083 [43]) exists, the SIP dialog in the transferable dialog set, which is interworked with the CS call in Active (N10) state (defined in 3GPP TS 24.008 [8]) and Idle auxiliary state (defined in 3GPP TS 24.083 [43]); and

b)
if a CS call in Active (N10) state (defined in 3GPP TS 24.008 [8]) and Idle auxiliary state (defined in 3GPP TS 24.083 [43]) does not exist, a SIP dialog in the transferable dialog set, which is interworked with any CS call; and

B)
send a SIP INFO request according to 3GPP TS 24.229 [2] within the determined dialog for communication with ATCF. The MSC server shall populate the SIP INFO request with:

a)
Info-Package header field with value g.3gpp.access-transfer-events; and

b)
application/vnd.g.3gpp.access-transfer-events+xml MIME body indicating the session transfer notification request.

Upon receiving SIP INFO request carrying the session transfer notification response within the determined dialog for communication with ATCF, the MSC server shall:

1)
send a SIP 200 (OK) response to the SIP INFO request according to 3GPP TS 24.229 [2];

2)
if the application/vnd.g.3gpp.access-transfer-events+xml MIME body indicates that the ATCF does not require the MSC server to redirect the speech media component of the session transferred by the CS to PS SRVCC access transfer, continue handling the procedures in the subclause 12.4.2.3; and
3)
if the application/vnd.g.3gpp.access-transfer-events+xml MIME body indicates that the ATCF requires the MSC server to redirect the speech media component of the session transferred by the CS to PS SRVCC access transfer, continue handling the procedures in the subclause 12.4.2.4.
Editor's note: [rSRVCC-CT, CR#0665] in order to prevent that the the determined dialog for communication with ATCF is released or its speech media component changed from active to inactive, the MSC should reject any change of the call state between session transfer notification request and session transfer notification preparation, if possible. FFS whether this is in scope of 24.237 or other spec.

****************** change 2 ******************

12.4.2.3
Transfer of session without MSC server redirecting the speech media component 
If the MSC server supports the CS to PS SRVCC, when the access transfer is prepared according to 3GPP TS 23.216 [15] and when the ATGW does not require the MSC server to redirect the speech media component of the session transferred by the CS to PS SRVCC access transfer, the MSC server shall:
1)
send a SIP INFO request according to 3GPP TS 24.229 [2] within determined dialog for communication with ATCF. The MSC server shall populate the SIP INFO request with:

A)
Info-Package header field with value g.3gpp.access-transfer-events; and

B)
application/vnd.g.3gpp.access-transfer-events+xml MIME body indicating the session transfer preparation.

If the access transfer is cancelled according to 3GPP TS 23.216 [15], the MSC server shall send a SIP INFO request according to 3GPP TS 24.229 [2] within determined dialog for communication with ATCF. The MSC server shall populate the SIP INFO request with:

1)
Info-Package header field with value g.3gpp.access-transfer-events; and

2)
application/vnd.g.3gpp.access-transfer-events+xml MIME body indicating the session transfer cancellation.

****************** change 3 ******************

12.4.2.4
Transfer of session with MSC server redirecting the speech media component
When the ATGW requires the MSC server to redirect the speech media component of the session transferred by the CS to PS SRVCC access transfer, the MSC server shall:
1)
send a SIP INVITE request according to 3GPP TS 24.229 [2]. The MSC server shall populate the SIP INVITE request with:

A)
the Request-URI header filed set to the ATCF management URI; 

B)
Contact header filed set to the IP address of MSC server; and 
C)
SDP body includes the speech media component of the session transferred by the CS to PS SRVCC access transfer.
When the access transfer is prepared according to 3GPP TS 23.216 [15] and after the MSC server redirect the speech media component of the session transferred by the CS to PS SRVCC access transfer to the ATGW, the MSC server shall:
1)
send a SIP INFO request according to 3GPP TS 24.229 [2] within dialog for communication with ATCF. The MSC server shall populate the SIP INFO request with:

A)
Info-Package header field with value g.3gpp.access-transfer-events; and

B)
application/vnd.g.3gpp.access-transfer-events+xml MIME body indicating the session transfer preparation.
If the MSC server supports the CS to PS SRVCC, when the access transfer is cancelled according to 3GPP TS 23.216 [15], the MSC server shall send a SIP INFO request according to 3GPP TS 24.229 [2] within determined dialog for communication with ATCF. The MSC server shall populate the SIP INFO request with:
1)
Info-Package header field with value g.3gpp.access-transfer-events; and

2)
application/vnd.g.3gpp.access-transfer-events+xml MIME body indicating the session transfer cancellation.

