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Introduction

There is currently a large amount of material in Annex B.

The purpose of Annex B is for material to attain stability, prior to it being moved to the main body of the specification.

It is believed that all the material in Annex B will form part of the eventual specification, and therefore there is no need to retain this material in Annex B, and it can now appear in the main body of the specification.

If during the discussion, exceptions are identified, they can be marked in the attached table.

Proposal

It is proposed that the entire contents of Annex B, as listed in the Attachment to this specification, and as amended by the CRs agreed at this meeting, are moved to the main body of the specification.

Attachment: Current contents of Annex B

4.2
URL and address assignments

5
Application usage of SIP

5.1
Procedures at the UE

5.1.1
GPRS aspects when connected to IMS

5.1.1.1
PDP context activation and P-CSCF discovery

5.1.1.2
Session management procedures

5.1.1.3
Mobility management procedures

5.1.1.4
Cell selection and lack of coverage

5.1.2
Registration and authentication

5.1.2.1
General

5.1.2.2
Initial registration

5.1.2.3
Initial subscription to the registration-state event package

5.1.2.4
User-initiated re-registration

5.1.2.5
Authentication

5.1.2.5.1
General

5.1.2.5.2
Initial authentication

5.1.2.5.3 
Re-authentication

5.1.2.5.4
Network-initiated re-authentication

5.1.2.6
Mobile-initiated deregistration

5.1.2.7
Network-initiated deregistration

5.1.3
Subscription and notification

5.1.3.1
Notification about multiple registered public user identities

5.1.4
Call initiation - mobile originating case

5.1.4.1
Initial INVITE

5.1.4.2
PRACK

5.1.4.3
COMET

5.1.4.4
Re-INVITE

5.1.5
Call initiation - mobile terminating case

5.1.5.1
Initial INVITE

5.1.5.2
PRACK

5.1.5.3
COMET

5.1.5.4
Re-INVITE

5.1.6
Call release

5.1.6.1
MO call release

5.1.6.2
MT call release

5.1.7
Call-related information

5.1.7.1
REFER

5.1.7.2
INFO

5.1.8
Call-independent information

5.1.8.1
OPTIONS

5.2
Procedures at the P-CSCF

5.2.1
General

5.2.2 
Registration

5.2.3
Subscription to the users registration-state event package

5.2.4 
Registration of multiple public user identites

5.2.5
Deregistration

5.2.5.1
User-initiated deregistration

5.2.5.2
Network-initiated deregistration

5.2.6
General treatment for all dialogs and standalone transactions excluding REGISTER

5.2.6.1
Introduction

5.2.6.2
Requests initiated by the UE

5.2.6.3
Requests terminated by the UE

5.2.7
Initial INVITE

5.2.7.1
Determination MO or MT case

5.2.7.2
Mobile-originating case

5.2.7.3
Mobile-terminating case

5.2.8
Call release

5.2.8.1
P-CSCF-initiated call release

5.2.8.2
Call release initiated by any other entity

5.2.9
Subsequent requests

5.2.9.1
Mobile-originating case

5.2.9.2
Mobile-terminating case

5.2.10
Further initial requests

5.2.10.1
Mobile-originating case

5.2.10.2
Mobile-terminating case

5.3
Procedures at the I-CSCF

5.3.1
Registration procedure

5.3.2
Transactions for sessions initiated by the UE

5.3.3
THIG functionality in the I-CSCF(THIG)

5.4
Procedures at the S-CSCF

5.4.1
Registration and authentication

5.4.1.1
Introduction

5.4.1.2
Initial registration and user-initiated reregistration

5.4.1.3
User-initiated deregistration

5.4.1.4
Network-initiated deregistration

5.4.1.5
Network-initiated reauthentication

5.4.2
Subscription and notification

5.4.2.1
Subscriptions to S-CSCF events

5.4.2.1.1
Subscription to the registration-state event package

5.4.2.1.2
Notification about registration state

5.4.2.2
Proxy behaviour for SUBSCRIBE / NOTIFY

5.4.3
General treatment for all dialogs and standalone transactions  excluding requests terminated by the S-CSCF

5.4.3.1
Requests initiated by the served user

5.4.3.2
Requests terminated at the served user

5.4.3.3
Original-Dialog-ID

5.4.4
Call initiation

5.4.4.1 
Initial INVITE

5.4.4.1.1
Determination of served user

5.4.3.1.2
Mobile-originating case

5.4.4.1.3
Mobile-terminating case

5.4.4.2
Subsequent requests

5.4.5
Call release

5.4.5.1
User-initiated call release

5.4.5.2
P-CSCF-initiated call release

5.4.5.3
S-CSCF-initiated call release

5.4.6
Call- Related related requests

5.4.6.1
Re-INVITE

5.4.6.1.1
Determination of served user

5.4.6.1.2
Mobile-originating case

5.4.6.1.3
Mobile-terminating case

5.4.6.2
REFER

5.4.6.2.1
Mobile-originating case

5.4.6.2.2
Mobile-terminating case

5.4.6.2.3
REFER initiating a new session

5.4.6.2.4
REFER replacing an existing session

5.4.6.3
INFO

5.4.7
Further initial requests

5.5
Procedures at the MGCF

5.5.1
General

5.5.2
Subscription and notification

5.5.2.1
Subscriptions to MGCF events

5.5.2.2
Gateway behaviour for SUBSCRIBE / NOTIFY

5.5.3
Call initiation

5.5.3.1 
Initial INVITE

5.5.3.1.1
Circuit-switched network-originating case

5.5.3.1.2
Circuit-switched network-terminating case

5.5.3.2
Subsequent requests

5.5.3.2.1
Circuit-switched network-originating case

5.5.3.2.2
Circuit-switched network-terminating case

5.5.4
Call release

5.5.4.1
Circuit-switched network-initiated call release

5.5.4.2
S-CSCF-initiated call release

5.5.4.3
MGW-initiated call release

5.5.5
Call-related requests

5.5.5.1
Re-INVITE

5.5.5.1.1
Circuit-switched network-originating case

5.5.5.1.2
Circuit-switched network-terminating case

5.5.5.2
REFER

5.5.5.2.1
Circuit-switched network-originating case

5.5.5.2.2
Circuit-switched network-terminating case

5.5.5.2.3
REFER initiating a new session

5.5.5.2.4
REFER replacing an existing session

5.5.5.3
INFO

5.5.6
Further initial requests

5.6
Procedures at the BGCF

5.6.1
General

5.6.2
Session-initiation transaction

5.7
Procedures at the Application Server (AS)

5.7.1
Application Server (AS) acting as terminating UA, or redirect server

5.7.2
Application Server (AS) acting as originating UA

5.7.3
Application Server (AS) acting as a SIP proxy

5.7.4
Application Server (AS) performing 3rd party call control

5.7.4.1
General

5.7.4.2
Call initiation

5.7.4.2.1 
Initial INVITE

5.7.4.2.2
Subsequent requests

5.7.4.3
Call release

5.7.5.4
Call-related requests

5.7.5.5
Further initial requests

5.8
Procedures at the MRFC

5.8.1
General

5.8.2
Call initiation

5.8.2.1 
Initial INVITE

5.8.2.1.1
MRFC-terminating case

5.8.2.1.2
MRFC-originating case

5.8.2.2
Subsequent requests

5.8.3
Call release

5.8.3.1
S-CSCF-initiated call release

5.8.3.2
MRFC-initiated call release

5.8.4
Call-related requests

5.8.4.1
Re-INVITE

5.8.4.1.1
MRFC-terminating case

5.8.4.1.2
MRFC-originating case

5.8.4.2
REFER

5.8.4.2.1
MRFC-terminating case

5.8.4.2.2
MRFC-originating case

5.8.4.2.3
REFER initiating a new session

5.8.4.2.4
REFER replacing an existing session

5.8.4.3
INFO

5.8.5
Further initial requests

6
Application usage of SDP

6.1
Procedures at the UE

6.2
Procedures at the P-CSCF

6.3
Procedures at the S-CSCF

6.4
Procedures at the MGCF

6.4.1
Circuit-switched network-originating case

6.4.2
Circuit-switched network-terminating case

6.5
Procedures at the MRFC

7.2
SIP headers defined within this specification

7.2.1
Path header

7.2.1.1
Introduction

7.2.1.2
Syntax

7.2.1.3
Operation

7.3
Option tags defined within this specification

7.3.1
Path option tag

8
SIP compression

8.1
SIP compression procedures at the UE

8.1.1
SIP compression algorithm negotiation

8.1.2
Compression of SIP requests and responses transmitted to the P-CSCF

8.1.3
Decompression of SIP requests and responses received from the P-CSCF

8.2
SIP compression procedures at the P-CSCF

8.2.1
SIP compression algorithm negotiation

8.2.2
Compression of SIP requests and responses transmitted to the UE

8.2.3
Decompression of SIP requests and responses received from the UE

