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	Reason for change:
	As per section 12.3.8 of 24.237, removal of superfluous session specifies in the following way.

          b)   if the session is an early dialog on originating side send a    SIP 404 (Not Found) response;

As per section A.17.3 of 24.237, for outgoing call, network removes the early dialog after successful aSRVCC HO as per step 31 and 32. Network sends ‘404 Not found’ and UE responds with ACK after removal of early dialog.
As per section 12.3.8 of 24.237 , specifies about removal of superfluous session in the following way.

        c)            if the session is an early dialog on terminating side send a SIP CANCEL request; and
As per section A.17.2 of 24.237, for incoming call, network removes the early dialog after successful aSRVCC HO as per steps 36-38 and step 41
1)   24.237 version 12.5.0 and 12.2.3

b)  and there are no more non-speech media component(s) remaining in the IMS session other than the speech media component which was transferred to the CS Target Access Leg; the SC UE shall either:

-    send a SIP re-INVITE request to the SCC AS as specified for media removal in subclause 13.2.1 indicating in the SDP offer the speech media component as removed;

-    wait for a period of time for a SIP BYE request to be received before clearing the SIP dialog state internally; or

-    clear the SIP dialog state internally; or

…..

NOTE 3:     If a SIP BYE request is received after the UE has cleared the SIP dialog state internally the UE will send a SIP 481 Call/Transaction Does Not Exist response according to RFC 3261 [19].

Based on the above, UE can also remove SIP dialog state internally. Due to this, UE can successfully release dialog or can send reply as if dialog does not exist



	
	

	Summary of change:
	1)   SS sends ‘404 Not Found’ and UE responds with ‘ACK’
2)   SS sends CANCEL and UE responds with ‘200 OK’ and 487 request terminated. Now, SS responsds with ‘ACK’
3)  SS sends BYE and based on UE implementation, UE sends either ‘200 OK’ or ‘481 Call/Transcation Does Not Exist’

	
	

	Consequences if not approved:
	TC will fail for conformant UE
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	Other comments:
	r1
clarified the to-tag sent in the ‘404 Not Found’ and corrected status code
Addition of C.36 for removal IMS session release after SRVCC CS+PS Handover.In this procedure, UE either sends ‘200 OK’ or ‘481 Call/Trhanscation Does not Exist’ based on when UE have deleted IMS session or not.
This is an update of R5-144156 and the outcome of 1 revision to that document.


<Start of Change 1>
A.2.17
404 Not Found
	Header/param
	Value/remark
	Rel
	Reference

	Status-Line
	
	
	RFC 3261 [15]

	
SIP-Version
	SIP/2.0
	
	

	
Status-Code
	404
	
	

	
Reason-Phrase
	Not Found
	
	

	Via
	
	
	RFC 3261 [15]

	
via-parm
	same value as received in INVITE message
	
	

	From
	
	
	RFC 3261 [15]

	
addr-spec
	same value as received in INVITE message
	
	

	
tag
	same value as received in INVITE message
	
	

	To
	
	
	RFC 3261 [15]

	
addr-spec
	same value as received in INVITE message
	
	

	
tag

	same value as in an earlier responses sent to the UE for this dialog
	
	

	Call-ID
	
	
	RFC 3261 [15]

	
callid
	same value as received in INVITE message
	
	

	Session-ID
	
	
	draft-kaplan-dispatch-session-id [115]

	
sess-id
	same value as received in INVITE message, if Session-ID header field exists in received INVITE message, otherwise, not present.
	
	

	CSeq
	
	
	RFC 3261 [15]

	
value
	same value as received in INVITE message
	
	

	Content-Length
	
	
	RFC 3261 [15]

	
value
	0
	
	


A.2.18 481 Call/Transaction Does Not Exist
	Header/param
	Value/remark
	Rel
	Reference

	Status-Line
	
	
	RFC 3261 [15]

	
SIP-Version
	SIP/2.0
	
	

	
Status-Code
	481
	
	

	
Reason-Phrase
	Call/Transaction Does Not Exist
	
	

	Via
	
	
	RFC 3261 [15]

	
via-parm
	same value as received in request
	
	

	From
	
	
	RFC 3261 [15]

	
addr-spec
	same value as received in request
	
	

	
tag
	same value as received in request
	
	

	To
	
	
	RFC 3261 [15]

	
addr-spec
	same value as received in request
	
	

	
tag

	any arbitrary tag value added
	
	

	Call-ID
	
	
	RFC 3261 [15]

	
callid
	same value as received in request
	
	

	Session-ID
	
	
	draft-kaplan-dispatch-session-id [115]

	
sess-id
	same value as received in request, if Session-ID header field exists in received request, otherwise, not present.
	
	

	CSeq
	
	
	RFC 3261 [15]

	
value
	same value as received in request
	
	

	Content-Length
	
	
	RFC 3261 [15]

	
value
	0
	
	


<End of Change 1>
<Start of Change 2>
C.34
Generic test procedure for removal of early dialog of origination  call after successful aSRVCC  handover 

Test procedure:

1)
SS sends 404 Not found to the UE

2)
SS waits for UE to send ACK 
Expected sequence:

	Step
	Direction
	Message
	Comment

	
	UE
	SS
	
	

	1
	(
	404 Not Found
	SS sends 404 Not Found

	2
	(
	ACK
	UE sends ACK.


ACK (step 2)

Use the default message " ACK” in annex A.2.6 with condition A4
C.35
Generic test procedure for removal of early dialog of incoming  call after successful aSRVCC  handover 

Test procedure:

1)
SS sends CANCEL to the UE
2)
SS waits for UE to send 200 OK
3) SS waits for UE to send 487 Request terminated

4) SS responds with ACK to the UE

Expected sequence:

	Step
	Direction
	Message
	Comment

	
	UE
	SS
	
	

	1
	(
	CANCEL
	SS sends CANCEL

	2
	(
	200 OK
	UE sends 200 OK.

	3
	(
	487 Request Terminated
	UE sends 487 Request Terminated

	4
	(
	ACK
	SS sends ACK


ACK (step 2)

Use the default message " ACK” in annex A.2.6 with condition A4
C.36
Generic test procedure for removal IMS session release after SRVCC CS+PS Handover
Test procedure:

1)
SS sends BYE to UE
2A)
SS waits for UE to send 200 OK

2B) SS waits for UE to send 481 Call/Transcation Does Not Exist
Expected sequence:

	Step
	Direction
	Message
	Comment

	
	UE
	SS
	
	

	1
	(
	BYE
	SS sends BYE

	
	
	
	Exception: Based on the UE implementation, either IMS session is removed internally or will be terminated explicitly. If UE does not delete the IMS session, then, UE sends 200 OK otherwise ‘481 Call/Transcation Does Not Exist

	2A
	(
	200 OK
	UE sends 200 OK.

	2B
	(
	SIP 481 Call/Transaction Does Not Exist 
	UE sends 481 Call/Transcation Does Not Exist


<End of Change 2>
